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New in 14

AMI

® Anew event, Di al St at e has been added. This is similar to Di al Begi n and Di al End in that it tracks the state of a dialed call. The difference is
that this indicates some intermediate state change in the dial attempt, such as "RINGING", "PROGRESS", or "PROCEEDING".

ARI

* A new ARI method has been added to the channels resource. "create" allows for you to create a new channel and place that channel into
a Stasis application. This is similar to origination except that the specified channel is not dialed. This allows for an application writer to
create a channel, perform manipulations on it, and then delay dialing the channel until later.

®* To complement the "create" method, a "dial" method has been added to the channels resource in order to place a call to a created
channel.

® All operations that initiate playback of media on a resource now support a list of media URIs. The list of URIs are played in the order they
are presented to the resource. A new event, Pl aybackCont i nui ng, is raised when a media URI finishes but before the next media URI
starts. When a list is played, the "Playback" model will contain the optional attribute next _medi a_ur i , which specifies the next media
URI in the list to be played back to the resource. The Pl aybackFi ni shed event is raised when all media URIs are done.

® Stored recordings now allow for the media associated with a stored recording to be retrieved. The new route, {{ GET /recordings/stored/{name}/file
1, will transmit the raw media file to the requester as binary.

* Di al events have been modified to not only be sent when dialing begins and ends. They now are also sent for intermediate states, such
as "RINGING", "PROGRESS", and "PROCEEDING".

Applications
BridgeAdd

® A new application in Asterisk, this will join the calling channel to an existing bridge containing the named channel prefix.

ChanSpy

® Added the | option, which forces ChanSpy's audiohook to use a long queue to store the audio frames. This option is useful if audio loss
is experienced when using ChanSpy, but may introduce some delay in the audio feed on the listening channel.

ConfBridge

* Added the ability to pass options to MixMonitor when recording is used with ConfBridge. This includes the addition of the following
configuration parameters for the 'bridge’ object:
® record_file_timestamp: whether or not to append the start time to the recorded file name
® record_options: the options to pass to the MixMonitor application
® record_command: a command to execute when recording is finished
Note that these options may also be with the CONFBRIDGE function.

ControlPlayback

® Remote files can now be retrieved and played back. See the Playback dialplan application for more details.

FollowMe

® |tis now possible to disable the prompt from a callee by setting enabl e_cal | ee_pronpt = no in followme.conf.

Playback

® Remote files can now be retrieved and played back via the Playback and other media playback dialplan applications. This is done by directly
providing the URL to play to the dialplan application:

sane => n, Playback(http://1.1. 1.1/ how er-nonkeys-fl.wav)
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Note that unlike 'normal' media files, the entire URI to the file must be provided, including the file extension. Currently, on HTTP and HTTPS
URI schemes are supported.

Queue

* Added field ReasonPause on QueueMemberStatus if set when paused, the reason the queue member was paused.
® Added field LastPause on QueueMemberStatus for time when started the last pause for a queue member.
® Show the time when started the last pause for queue member on CLI for command 'queue show'.

SMS

® Added the 'n' option, which prevents the SMS from being written to the log file. This is needed for those countries with privacy laws that
require providers to not log SMS content.

Channel Drivers

chan_dahdi

® The CALLERID(ani2) value for incoming calls is now populated in f eat dnf signaling mode. The information was previously discarded.
®* Addedthe force_restart_unavai |l abl e_chans compatibility option. When enabled it causes Asterisk to restart the ISDN B channel
if an outgoing call receives cause 44 (Requested channel not available).

chan_iax2

® Theiax.confforcejitterbuffer option has been removed. It is now always forced if you set iax.confji tt er buf f er=yes . If you
put a jitter buffer on a channel it will be on the channel.

® A new configuration parameters, cal | t okenexpi r at i on, has been added that controls the duration before a call token expires. Default
duration is 10 seconds. Setting this to a higher value may help in lagged networks or those experiencing high packet loss.

chan_rtp (was chan_multicast_rtp)

® Added unicast RTP support and renamed chan_multicast_rtp to chan_rtp. The format for dialing a unicast RTP channel is:
Uni cast RTP/ <dest i nati on-addr>[/[ <opti ons>]]
® Where <dest i nat i on- addr > is something like 127. 0. 0. 1: 5060
® Where <opt i ons> are in standard Asterisk flag options format:
® c(<codec>) - Specify which codec/format to use such as 'ulaw'.
® ¢(<engi ne>) - Specify which RTP engine to use such as 'asterisk'.
* New options were added for a multicast RTP channel. The format for dialing a multicast RTP channel is:
Mul ti cast RTP/ <t ype>/ <desti nati on-addr>[/[ <control -addr>][/[ <options>]]]
® Where <t ype> can be either ' basi c' or'|inksys'.
® Where <dest i nati on- addr > is something like ' 224. 0. 0. 3: 5060' .
® Where <cont r ol - addr > is something like * 127. 0. 0. 1: 5060' .
® Where <opt i ons> are in standard Asterisk flag options format:
® c(<codec>) - Specify which codec/format to use such as 'ulaw'.
® | (<address>) - Specify the interface address from which multicast RTP is sent.
® | (<enabl e>) - Set whether packets are looped back to the sender. The enable value can be 0 to set looping to off and
non-zero to set looping on.
® t(<ttl>) - Setthe time-to-live (TTL) value for multicast packets.

chan_sip

® New rt pbi ndaddr global setting. This allows a user to define which ip address to bind the rtpengine to. For example, chan_sip might
bind to eth0 (10.0.0.2) but rtpengine to eth1 (192.168.1.10).

® DTLS related configuration options can now be set at a general level. Enabling DTLS support, though, requires enabling it at the user or
peer level.

® Added the possibility to set the From: header through the the SIP dial string (populating the fromuser/fromdomain fields), complementing
the ['dnid] option for the To: header that has existed since 1.6.0 (1d6b192).
NOTE: This is again separated by an exclamation mark, so the To: header may not contain one of those.
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chan_pjsip

®* New user _eq_phone endpoint setting. This adds a user =phone parameter to the request URI and From URI if the user is determined
to be a phone number.

®* New nph_passt hr ough endpoint setting. This will pass hold and unhold requests through using SIP re-invites with sendonly and
sendrecv accordingly.

® Added the pjsip.conf system type di sabl e_t cp_sw t ch option. The option allows the user to disable switching from UDP to TCP
transports described by RFC 3261 section 18.1.1.

Core

® The core of Asterisk uses a message bus called "Stasis" to distribute information to internal components. For performance reasons, the
message distribution was modified to make use of a thread pool instead of a dedicated thread per consumer in certain cases. The initial
settings for the thread pool can now be configured in 'stasis.conf'.
® A new core DNS API has been implemented which provides a common interface for DNS functionality. Modules that use this functionality
will require that a DNS resolver module is loaded and available.
® Modified processing of command-line options to first parse only what is necessary to read asterisk.conf. Once asterisk.conf is fully
loaded, the remaining options are processed. The -X option now applies to asterisk.conf only. To enable #exec for other config files you
must set execincludes=yes in asterisk.conf. Any other option set on the command-line will now override the equivalent setting from
asterisk.conf.
® The TLS core in Asterisk now supports X.509 certificate subject alternative names. This way one X.509 certificate can be used for hosts
that can be reached under multiple DNS names or for multiple hosts.
® The Asterisk logging system now supports JSON structured logging. Log channels specified in logger.conf or added dynamically via CLI
commands now support an optional specifier prior to their levels that determines their formatting. To set a log channel to format its entries
as JSON, a formatter of [ j son] can be set, e.g., full => [ son] debug, ver bose, noti ce, war ni ng, error
® The core now supports a 'media cache', which stores temporary media files retrieved from external sources. CLI commands have been
added to manipulate and display the cached files, including:
®* medi a cache show <al | > - show all cached media files, or details about one particular cached media file
®* nedi a cache refresh <iten® - force arefresh of a particular media file in the cache
®* nedi a cache del ete <itenp-remove an item from the cache
®* nmedi a cache create <uri> -retrieve a URI and store it in the cache
® The ability for hints to be automatically created as a result of device state changes now exists in the PBX. This functionality is referred to
as aut ohi nt s and is configurable in extensions.conf by placing aut ohi nt s=yes in the context. If enabled then a hint will be
automatically created with the name of the device.

Functions

® The func_odbc global option si ngl e_db_connect i on default value has been changed to no.

Formats

® New module format_ogg_speex added which supports Speex codec inside Ogg containers (filename extension .spx).

CHANNEL

® Added CHANNEL( onhol d) item that returns 1 (onhold) and 0 (not-onhold) for the hold status of a channel.

CURL

® The CURL function now supports a write option, which will save the retrieved file to a location on disk. As an example:
{{same => n,Set(CURL(https://1.1.1.1/foo.wav)=/tmp/foo.wav)}} will save 'foo.wav' to /tmp.

DTMF Features

®* Thetransferdial attenpts default value has been changed from 1 to 3.
® Thetransferinvalidsound has been changed from pbx-i nval i d to pri vacy-i ncorrect . These were changed to make DTMF
transfers be more user-friendly by default.
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Resources

® A backend for the core media cache, this module retrieves media files from a remote HTTP(S) server and stores them in the core media
cache for later playback.

res_musiconhold

®* Added sort=randstart to the sort options. It sorts the files by name and then chooses the first file to play at random.
® Added pr ef er channel cl ass=no option to prefer the application-passed class over the channel-set musicclass. This allows separate
hold-music from application (e.g. Queue or Dial) specified music.

res_resolver_unbound

* Added a res_resolver_unbound module which uses the libunbound resolver library to perform DNS
resolution. This module requires the libunbound library to be installed in order to be used.

res_pjsip

® A new SIP resolver using the core DNS API has been implemented. This relies on external SIP resolver support in PJSIP which is only
available as of PJSIP 2.4. If this support is unavailable the existing built-in PJSIP SIP resolver will be used instead. The new SIP resolver
provides NAPTR support, improved SRV support, and AAAA record support.

res_pjsip_info_empty

® A new module that can respond to empty Content-Type INFO packets during call. Some SBCs will terminate a call if their empty INFO packets
are not responded to within a predefined time.

res_pjsip_outbound registration

®* Anewfatal _retry_interval option hasbeen added to outbound registration. When set (default is zero), and upon receiving a
failure response to an outbound registration, registration is retried at the given interval up to mex_retri es.

res_pjsip_outbound publish

® Added a new multi_user option that when set to yes allows a given configuration to be used for multiple users.

CEL Backends
cel_pgsql

® Added a new option, usegnt i ne, which causes timestamps in CEL events to be logged in GMT.
® Added support to set schema where located the table cel. This settings is configurable for cel_pgsql via the 'schema’ in configuration
file cel_pgsql.conf.

CDR Backends

cdr_adaptive_odbc

® Added the ability to set the character to quote identifiers. This allows adding the character at the start and end of table and
column names. This setting is configurable for cdr_adaptive_odbc via the quoted_identifiers in configuration file cdr_adaptive_odbc.conf.
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cdr_odbc

® Added a new configuration option, newcdr col uims, which enables use of the post-1.8 CDR columns peer account, | i nkedi d, and s
equence.

cdr_csv

® Added a new configuration option, newcdr col unms, which enables use of the post-1.8 CDR columns peer account, | i nkedi d, and s
equence.
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Upgrading to Asterisk 14

Overview

As Asterisk 14 is built on the architecture introduced in Asterisk 12 and continued in Asterisk 13, users upgrading to Asterisk 14 from an older version of
Asterisk should be aware of the architectural changes that were made in the previous Standard release. It is recommended that you review:

The upgrade notes on this page

The New in 14 information, which lists the major new features in Asterisk 14

The notes on Upgrading to Asterisk 13 if you are upgrading from a version of Asterisk prior to Asterisk 13
The notes on what is New in 13 if if you are upgrading from a version of Asterisk prior to Asterisk 13.

ARI

® The policy for when to send Di al events has changed. Previously, Di al events were sent on the calling channel's topic. However, starting in
Asterisk 14, if there is no calling channel on which to send the event, the event is instead sent on the called channel's topic. Note that for the ARI
channels resource's dial operation, this means that the Di al events will always be sent on the called channel's topic.

Channel Drivers

chan_dahdi

® For users using the FXO port (FXS signaling) distinctive ring detection feature, you will need to adjust the dr i ngX count values. The
count values now only record ring end events instead of any DAHDI event. A ring-ring-ring pattern would exceed the pattern limits and
stop Caller-ID detection.

chan_sip

® The SIP dial string has been extended past the [ ! dni d] option by another exclamation mark: [ ! dni d[ ! f ronuri ] . An exclamation
mark in the To-URI will now mean changes to the From-URI.

Core

®* The REF_DEBUG compiler flag is now used to enable refdebug by default. The setting can be overridden in asterisk.conf by setting
refdebug in the options category. No recompile is required to enable/disable it.

® Modified processing of command-line options to first parse only what is necessary to read asterisk.conf. Once asterisk.conf is fully
loaded, the remaining options are processed. The -X option now applies to asterisk.conf only. To enable #exec for other config files you
must set execi ncl udes=yes in asterisk.conf. Any other option set on the command-line will now override the equivalent setting from
asterisk.conf.

® The Mbdul eCheck Action's Version key will no longer show the moduleversion. The value will always be blank.

® The Command action now sends the output from the CLI command as a series of Output headers for each line instead of as a block of text with
the - - END COMVAND- - delimiter to match the output from other actions.

® Commands that fail to execute (no such command, invalid syntax etc.) now return an Error response instead of Success.

CLI

® Thecore show fil e versi on command has been removed. When Asterisk moved to Git, the source control version support was removed.
As a result, the CLi command was no longer useful and was removed as well.

Logging

® The first callid created is now 1 instead of 0. The value 0 is now reserved to represent a lack of callid.

app_amd
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® The maxi mum_nunber _of _wor ds configuration option and parameter to the AMD application previously did not match the documented
functionality + variable name. In Asterisk 13, a value of '3' would mean that if '3 words were detected, the result would be detection as a
'MACHINE'. As of this version, the value reflects the maximum words that if EXCEEDED (rather than reached), would result in detection
as a machine. This means that you should update this value to be one higher than your previous value, if your previous value was
working well for you.
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Asterisk 14 Command Reference
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Asterisk 14 AGICommand_answer
ANSWER

Synopsis

Answer channel

Description

Answers channel if not already in answer state. Returns - 1 on channel failure, or 0 if successful.

Syntax

ANSVER

Arguments

See Also

® Asterisk 14 AGICommand_hangup

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

22



Asterisk 14 AGICommand_asyncagi break
ASYNCAGI BREAK

Synopsis

Interrupts Async AGI

Description

Interrupts expected flow of Async AGI commands and returns control to previous source (typically, the PBX dialplan).

Syntax

ASYNCAG BREAK

Arguments

See Also

® Asterisk 14 AGICommand_hangup

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_channel status

CHANNEL STATUS

Synopsis

Returns status of the connected channel.

Description
Returns the status of the specified channelname. If no channel name is given then returns the status of the current channel.
Return values:

® 0 - Channel is down and available.

® 1 - Channel is down, but reserved.

® 2 - Channel is off hook.

® 3 - Digits (or equivalent) have been dialed.
® 4 -Lineisringing.

® 5 - Remote end is ringing.

® 6 -Lineisup.

® 7 -Lineis busy.

Syntax

CHANNEL STATUS CHANNELNAMVE

Arguments

¢ channel nane

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_control stream file
CONTROL STREAM FILE

Synopsis

Sends audio file on channel and allows the listener to control the stream.

Description

Send the given file, allowing playback to be controlled by the given digits, if any. Use double quotes for the digits if you wish none to be permitted. If
offsetms is provided then the audio will seek to offsetms before play starts. Returns 0 if playback completes without a digit being pressed, or the ASCII
numerical value of the digit if one was pressed, or - 1 on error or if the channel was disconnected. Returns the position where playback was terminated as

endpos.
It sets the following channel variables upon completion:

® CPLAYBACKSTATUS - Contains the status of the attempt as a text string

® SUCCESS

® USERSTOPPED

® REMOTESTOPPED

* ERROR
® CPLAYBACKOFFSET - Contains the offset in ms into the file where playback was at when it stopped. - 1 is end of file.
® CPLAYBACKSTOPKEY - If the playback is stopped by the user this variable contains the key that was pressed.

Syntax

CONTROL STREAM FI LE FI LENAME ESCAPE_DI G TS SKI PM5 FFCHAR REWCHR PAUSECHR OFFSETMs

Arguments

® fil enane - The file extension must not be included in the filename.
® escape_digits

® skipns

® ffchar - Defaults to #

® rewchr - Defaults to *

® pausechr

® of f set ns - Offset, in milliseconds, to start the audio playback

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 25



Asterisk 14 AGICommand_database del
DATABASE DEL

Synopsis

Removes database key/value

Description
Deletes an entry in the Asterisk database for a given family and key.

Returns 1 if successful, 0 otherwise.

Syntax

DATABASE DEL FAM LY KEY

Arguments

® famly
® key

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.



Asterisk 14 AGICommand_database deltree
DATABASE DELTREE

Synopsis

Removes database keytree/value

Description
Deletes a family or specific keytree within a family in the Asterisk database.

Returns 1 if successful, 0 otherwise.

Syntax

DATABASE DELTREE FAM LY KEYTREE

Arguments

® famly
® keytree

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_database get
DATABASE GET

Synopsis
Gets database value

Description

Retrieves an entry in the Asterisk database for a given family and key.

Returns 0 if key is not set. Returns 1 if key is set and returns the variable in parenthesis.

Example return code: 200 result=1 (testvariable)

Syntax

DATABASE GET FAM LY KEY

Arguments

® fanmily
® key

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_database put
DATABASE PUT

Synopsis

Adds/updates database value

Description
Adds or updates an entry in the Asterisk database for a given family, key, and value.

Returns 1 if successful, 0 otherwise.

Syntax

DATABASE PUT FAM LY KEY VALUE

Arguments
® famly

® key
® val ue

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

29



Asterisk 14 AGICommand_exec
EXEC

Synopsis

Executes a given Application

Description

Executes application with given options.

Returns whatever the application returns, or - 2 on failure to find application.

Syntax

EXEC APPLI CATI ON GPTI ONS

Arguments

® application
® options

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_get data
GET DATA

Synopsis

Prompts for DTMF on a channel

Description
Stream the given file, and receive DTMF data.

Returns the digits received from the channel at the other end.

Syntax

GET DATA FILE TI MEQUT MAXDI G TS

Arguments
* file
® tineout

® maxdigits
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_get full variable
GET FULL VARIABLE

Synopsis

Evaluates a channel expression

Description

Returns 0 if variablename is not set or channel does not exist. Returns 1 if variablename is set and returns the variable in parenthesis. Understands
complex variable names and builtin variables, unlike GET VARIABLE.

Example return code: 200 result=1 (testvariable)

Syntax

GET FULL VARI ABLE VARI ABLENAMVE CHANNEL NAME

Arguments

® vari abl enane
® channel nane

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_get option
GET OPTION

Synopsis

Stream file, prompt for DTMF, with timeout.

Description

Behaves similar to STREAM FILE but used with a timeout option.

Syntax

GET OPTI ON FI LENAME ESCAPE_DI G TS TI MEOUT

Arguments
® filename

® escape_digits
® timeout

See Also

® Asterisk 14 AGICommand_stream file

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.



Asterisk 14 AGICommand_get variable
GET VARIABLE

Synopsis

Gets a channel variable.

Description
Returns 0 if variablename is not set. Returns 1 if variablename is set and returns the variable in parentheses.

Example return code: 200 result=1 (testvariable)

Syntax

GET VARI ABLE VARI ABLENAMVE

Arguments

® vari abl enane

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

34



Asterisk 14 AGICommand_gosub
GOSUB

Synopsis

Cause the channel to execute the specified dialplan subroutine.

Description

Cause the channel to execute the specified dialplan subroutine, returning to the dialplan with execution of a Return().

Syntax

GOSUB CONTEXT EXTENSI ON PRI ORI TY OPTI ONAL- ARGUVENT

Arguments

cont ext
ext ensi on
priority

°
°
°
® optional - argunment

See Also

® Asterisk 14 Application_GoSub

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_hangup
HANGUP

Synopsis

Hangup a channel.

Description

Hangs up the specified channel. If no channel name is given, hangs up the current channel

Syntax

HANGUP CHANNEL NAMVE

Arguments

® channel nane
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_noop
NOOP

Synopsis

Does nothing.

Description

Does nothing.

Syntax

NooP

Arguments

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_receive char
RECEIVE CHAR

Synopsis
Receives one character from channels supporting it.

Description

Receives a character of text on a channel. Most channels do not support the reception of text. Returns the decimal value of the character if one is received,
or 0 if the channel does not support text reception. Returns - 1 only on error/hangup.

Syntax

RECEI VE CHAR TI MEQUT

Arguments

® tineout - The maximum time to wait for input in milliseconds, or 0 for infinite. Most channels

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 38



Asterisk 14 AGICommand_receive text
RECEIVE TEXT

Synopsis

Receives text from channels supporting it.

Description

Receives a string of text on a channel. Most channels do not support the reception of text. Returns - 1 for failure or 1 for success, and the string in
parenthesis.

Syntax

RECEI VE TEXT TI MEQUT

Arguments

® tineout - The timeout to be the maximum time to wait for input in milliseconds, or 0 for infinite.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_record file
RECORD FILE

Synopsis

Records to a given file.

Description

Record to a file until a given dtmf digit in the sequence is received. Returns - 1 on hangup or error. The format will specify what kind of file will be recorded.
The timeout is the maximum record time in milliseconds, or - 1 for no timeout. offset samples is optional, and, if provided, will seek to the offset without
exceeding the end of the file. silence is the number of seconds of silence allowed before the function returns despite the lack of dtmf digits or reaching time
out. silence value must be preceded by s= and is also optional.

Syntax

RECORD FI LE FI LENAME FORVAT ESCAPE_DI G TS TI MEQUT OFFSET SAMPLES BEEP S=SI LENCE

Arguments

® filenane
® formt
® escape_digits
® tineout
® of fset sanples
® BEEP

® s=silence

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 40



Asterisk 14 AGICommand_say alpha
SAY ALPHA

Synopsis

Says a given character string.

Description

Say a given character string, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes without a digit
being pressed, or the ASCII numerical value of the digit if one was pressed or - 1 on error/hangup.

Syntax

SAY ALPHA NUMBER ESCAPE_DI G TS

Arguments

® nunber
® escape_digits

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 41



Asterisk 14 AGICommand_say date
SAY DATE

Synopsis

Says a given date.

Description

Say a given date, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes without a digit being
pressed, or the ASCII numerical value of the digit if one was pressed or - 1 on error/hangup.

Syntax

SAY DATE DATE ESCAPE DI G TS

Arguments

® dat e - Is number of seconds elapsed since 00:00:00 on January 1, 1970. Coordinated Universal Time (UTC).
® escape_digits

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 AGICommand_say datetime
SAY DATETIME

Synopsis
Says a given time as specified by the format given.

Description

Say a given time, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes without a digit being pressed,
or the ASCII numerical value of the digit if one was pressed or - 1 on error/hangup.

Syntax

SAY DATETI ME TI ME ESCAPE_DI G TS FORMAT TI MEZONE

Arguments

ti me - Is number of seconds elapsed since 00:00:00 on January 1, 1970, Coordinated Universal Time (UTC)
escape_digits

format - Is the format the time should be said in. See voi cemai | . conf (defaultsto ABdY 'digits/at' | M).

L]
L]
°
® tinezone - Acceptable values can be found in / usr/ shar e/ zonei nf o Defaults to machine default.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_say digits
SAY DIGITS

Synopsis
Says a given digit string.

Description

Say a given digit string, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes without a digit being
pressed, or the ASCII numerical value of the digit if one was pressed or - 1 on error/hangup.

Syntax

SAY DI G TS NUMBER ESCAPE DI G TS

Arguments

® nunber
® escape_digits

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 44



Asterisk 14 AGICommand_say number
SAY NUMBER

Synopsis

Says a given number.

Description

Say a given number, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes without a digit being
pressed, or the ASCII numerical value of the digit if one was pressed or - 1 on error/hangup.

Syntax

SAY NUMBER NUMBER ESCAPE DI G TS GENDER

Arguments

® nunber
® escape_digits
® gender

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_say phonetic
SAY PHONETIC

Synopsis
Says a given character string with phonetics.

Description

Say a given character string with phonetics, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes
without a digit pressed, the ASCII numerical value of the digit if one was pressed, or - 1 on error/hangup.

Syntax

SAY PHONETI C STRI NG ESCAPE_DI G TS

Arguments

® string
® escape_digits

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_say time
SAY TIME

Synopsis
Says a given time.

Description

Say a given time, returning early if any of the given DTMF digits are received on the channel. Returns 0 if playback completes without a digit being pressed,
or the ASCII numerical value of the digit if one was pressed or - 1 on error/hangup.

Syntax

SAY TIME TI ME ESCAPE DI G TS

Arguments

® tine -Is number of seconds elapsed since 00:00:00 on January 1, 1970. Coordinated Universal Time (UTC).
® escape_digits

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_send image
SEND IMAGE

Synopsis

Sends images to channels supporting it.

Description

Sends the given image on a channel. Most channels do not support the transmission of images. Returns 0 if image is sent, or if the channel does not
support image transmission. Returns - 1 only on error/hangup. Image names should not include extensions.

Syntax

SEND | MAGE | MAGE

Arguments
® i mage
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_send text
SEND TEXT

Synopsis

Sends text to channels supporting it.

Description

Sends the given text on a channel. Most channels do not support the transmission of text. Returns 0 if text is sent, or if the channel does not support text
transmission. Returns - 1 only on error/hangup.

Syntax

SEND TEXT TEXT TO SEND

Arguments

® text to send - Text consisting of greater than one word should be placed in quotes since the command only accepts a single
argument.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 49



Asterisk 14 AGICommand_set autohangup

SET AUTOHANGUP
Synopsis
Autohangup channel in some time.

Description

Cause the channel to automatically hangup at time seconds in the future. Of course it can be hungup before then as well. Setting to 0 will cause the
autohangup feature to be disabled on this channel.

Syntax

SET AUTOHANGUP TI ME

Arguments
® tine
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

50



Asterisk 14 AGICommand_set callerid
SET CALLERID

Synopsis

Sets callerid for the current channel.

Description

Changes the callerid of the current channel.

Syntax

SET CALLERI D NUMBER

Arguments

® nunber
See Also

Import Version
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Asterisk 14 AGICommand_set context
SET CONTEXT

Synopsis

Sets channel context.

Description

Sets the context for continuation upon exiting the application.

Syntax

SET CONTEXT DESI RED CONTEXT

Arguments

® desired context

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_set extension
SET EXTENSION

Synopsis

Changes channel extension.

Description

Changes the extension for continuation upon exiting the application.

Syntax

SET EXTENSI ON NEW EXTENSI ON

Arguments

® new extension

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_set music
SET MUSIC

Synopsis

Enable/Disable Music on hold generator

Description

Enables/Disables the music on hold generator. If class is not specified, then the def aul t music on hold class will be used. This generator will be stopped
automatically when playing a file.

Always returns 0.

Syntax

SET MJUSIC CLASS

Arguments
* {1
* {1
® on
* {1
® off
® class
See Also

Import Version
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Asterisk 14 AGICommand_set priority
SET PRIORITY

Synopsis

Set channel dialplan priority.

Description

Changes the priority for continuation upon exiting the application. The priority must be a valid priority or label.

Syntax

SET PRIORITY PRICRI TY

Arguments
® priority
See Also

Import Version
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Asterisk 14 AGICommand_set variable
SET VARIABLE

Synopsis

Sets a channel variable.

Description

Sets a variable to the current channel.

Syntax

SET VARI ABLE VARI ABLENAME VALUE

Arguments

® vari abl enane
® val ue

See Also

Import Version
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Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.



Asterisk 14 AGICommand_speech activate grammar

SPEECH ACTIVATE GRAMMAR
Synopsis
Activates a grammar.

Description

Activates the specified grammar on the speech object.

Syntax

SPEECH ACTI VATE GRAMVAR GRAMVAR NAME

Arguments

® granmar nane
See Also

Import Version
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Asterisk 14 AGICommand_speech create
SPEECH CREATE

Synopsis

Creates a speech object.

Description

Create a speech object to be used by the other Speech AGI commands.

Syntax

SPEECH CREATE ENG NE

Arguments
® engi ne
See Also

Import Version
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Asterisk 14 AGICommand_speech deactivate grammar

SPEECH DEACTIVATE GRAMMAR
Synopsis
Deactivates a grammar.

Description

Deactivates the specified grammar on the speech object.

Syntax

SPEECH DEACTI VATE GRAMVAR GRAMVAR NAME

Arguments

® granmar nane
See Also

Import Version
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Asterisk 14 AGICommand_speech destroy
SPEECH DESTROY

Synopsis

Destroys a speech object.

Description

Destroy the speech object created by SPEECH CREATE.

Syntax

SPEECH DESTROY

Arguments

See Also

® Asterisk 14 AGICommand_speech create

Import Version
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Asterisk 14 AGICommand_speech load grammar
SPEECH LOAD GRAMMAR

Synopsis

Loads a grammar.

Description

Loads the specified grammar as the specified name.

Syntax

SPEECH LOAD GRAMVAR GRAMVAR NAME PATH TO GRAMVAR

Arguments

® granmar nane
® path to granmar

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 AGICommand_speech recognize

SPEECH RECOGNIZE
Synopsis
Recognizes speech.

Description

Plays back given prompt while listening for speech and dtmf.

Syntax

SPEECH RECOGNI ZE PROVPT TI MEQUT OFFSET

Arguments
® pronpt

® tineout
® of fset

See Also

Import Version
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Asterisk 14 AGICommand_speech set
SPEECH SET

Synopsis

Sets a speech engine setting.

Description

Set an engine-specific setting.

Syntax

SPEECH SET NAME VALUE

Arguments

® nane
® val ue

See Also

Import Version
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Asterisk 14 AGICommand_speech unload grammar

SPEECH UNLOAD GRAMMAR
Synopsis
Unloads a grammar.

Description

Unloads the specified grammar.

Syntax

SPEECH UNLCAD GRAMVAR GRAMVAR NAMVE

Arguments

® granmar nane
See Also

Import Version
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Asterisk 14 AGICommand_stream file
STREAM FILE

Synopsis

Sends audio file on channel.

Description

Send the given file, allowing playback to be interrupted by the given digits, if any. Returns 0 if playback completes without a digit being pressed, or the
ASCII numerical value of the digit if one was pressed, or - 1 on error or if the channel was disconnected. If musiconhold is playing before calling stream file
it will be automatically stopped and will not be restarted after completion.

It sets the following channel variables upon completion:

® PLAYBACKSTATUS - The status of the playback attempt as a text string.
® SUCCESS
® FAILED

Syntax

STREAM FI LE FI LENAME ESCAPE_DI G TS SAMPLE OFFSET

Arguments

® fil enamne - File name to play. The file extension must not be included in the filename.
® escape_di gi ts - Use double quotes for the digits if you wish none to be permitted.
* sanpl e of fset - If sample offset is provided then the audio will seek to sample offset before play starts.

See Also

® Asterisk 14 AGICommand_control stream file

Import Version
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Asterisk 14 AGICommand_tdd mode
TDD MODE

Synopsis

Toggles TDD mode (for the deaf).

Description

Enable/Disable TDD transmission/reception on a channel. Returns 1 if successful, or 0 if channel is not TDD-capable.

Syntax

TDD MODE BOOLEAN

Arguments
® bool ean
® on
® off
See Also

Import Version
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Asterisk 14 AGICommand_verbose
VERBOSE

Synopsis

Logs a message to the asterisk verbose log.

Description

Sends message to the console via verbose message system. level is the verbose level (1-4). Always returns 1

Syntax

VERBCSE MESSACGE LEVEL

Arguments

® nessage
® |evel

See Also

Import Version
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Asterisk 14 AGICommand_wait for digit
WAIT FOR DIGIT

Synopsis

Waits for a digit to be pressed.

Description

Waits up to timeout milliseconds for channel to receive a DTMF digit. Returns - 1 on channel failure, 0 if no digit is received in the timeout, or the numerical
value of the ascii of the digit if one is received. Use - 1 for the timeout value if you desire the call to block indefinitely.

Syntax

WAIT FOR DIG T TI MEQUT

Arguments

® timeout
See Also

Import Version
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Asterisk 14 AMI Actions
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Asterisk 14 ManagerAction_AbsoluteTimeout
AbsoluteTimeout

Synopsis

Set absolute timeout.

Description

Hangup a channel after a certain time. Acknowledges set time with Ti neout Set message.

Syntax

Action: Absol uteTi neout
Actionl D <val ue>
Channel : <val ue>

Ti meout: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
® Channel - Channel name to hangup.
® Ti neout - Maximum duration of the call (sec).

See Also

Import Version
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Asterisk 14 ManagerAction_AgentLogoff
AgentLogoff

Synopsis

Sets an agent as no longer logged in.

Description

Sets an agent as no longer logged in.

Syntax

Action: Agent Logof f
Actionl D <val ue>
Agent: <val ue>
Soft: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Agent - Agent ID of the agent to log off.
® Soft - Settotrue tonot hangup existing calls.

See Also

Import Version
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Asterisk 14 ManagerAction_Agents
Agents

Synopsis

Lists agents and their status.

Description

Will list info about all defined agents.

Syntax

Action: Agents
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

® Asterisk 14 ManagerEvent_Agents
® Asterisk 14 ManagerEvent_AgentsComplete
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Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_AGI
AGI

Synopsis

Add an AGI command to execute by Async AGI.

Description

Add an AGI command to the execute queue of the channel in Async AGI.

Syntax

Action: AG

Actionl D <val ue>
Channel : <val ue>
Command: <val ue>
Commandl D:  <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
® Channel - Channel thatis currently in Async AGI.
®* Command - Application to execute.

¢ Conmandl D- This will be sent back in CommandID header of AsyncAGI exec event notification.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_AOCMessage
AOCMessage

Synopsis

Generate an Advice of Charge message on a channel.

Description

Generates an AOC-D or AOC-E message on a channel.

Syntax

Action: ACCMessage

Actionl D <val ue>

Channel : <val ue>

Channel Prefix: <val ue>

MsgType: <val ue>

Char geType: <val ue>

Uni t Amount (0): <val ue>

Uni t Type(0): <val ue>
CurrencyName: <val ue>
CurrencyAnmount : <val ue>
CurrencyMul tiplier: <value>

Tot al Type: <val ue>

ACCBi | | i ngld: <val ue>

Char gi ngAssoci ationld: <val ue>
Char gi ngAssoci ati onNunber: <val ue>
Char gi ngAssoci ati onPl an: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - Channel name to generate the AOC message on.
® Channel Prefi x - Partial channel prefix. By using this option one can match the beginning part of a channel name without having to put
the entire name in. For example if a channel name is SIP/snom-00000001 and this value is set to SIP/snom, then that channel matches
and the message will be sent. Note however that only the first matched channel has the message sent on it.
® MsgType - Defines what type of AOC message to create, AOC-D or AOC-E
°
. e
® Char geType - Defines what kind of charge this message represents.
® NA
®* FREE
® Currency
® Unit
® Uni t Anount (0) - This represents the amount of units charged. The ETSI AOC standard specifies that this value along with the optional
UnitType value are entries in a list. To accommodate this these values take an index value starting at 0 which can be used to generate
this list of unit entries. For Example, If two unit entires were required this could be achieved by setting the paramter UnitAmount(0)=1234
and UnitAmount(1)=5678. Note that UnitAmount at index 0 is required when ChargeType=Unit, all other entries in the list are optional.
® Unit Type(0) - Defines the type of unit. ETSI AOC standard specifies this as an integer value between 1 and 16, but this value is left
open to accept any positive integer. Like the UnitAmount parameter, this value represents a list entry and has an index parameter that
starts at 0.
® CurrencyNane - Specifies the currency's name. Note that this value is truncated after 10 characters.
® CurrencyAnpunt - Specifies the charge unit amount as a positive integer. This value is required when ChargeType==Currency.
® CurrencyMil tiplier - Specifies the currency multiplier. This value is required when ChargeType==Currency.
® OneThousandth
OneHundr edt h
OneTent h
One
Ten
Hundr ed
Thousand
®* Tot al Type - Defines what kind of AOC-D total is represented.
® Total
® SubTot al
® ACCBI | |i ngl d - Represents a bhilling ID associated with an AOC-D or AOC-E message. Note that only the first 3 items of the enum are
valid AOC-D hilling IDs
® Nor mal
® ReverseCharge
® CreditCard

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 74



Cal | FwdUncondi ti onal
Cal | FwdBusy

Cal | FwdNoRepl y

Cal | Defl ection

Cal | Transfer
® Chargi ngAssoci ati onl d - Charging association identifier. This is optional for AOC-E and can be set to any value between -32768
and 32767

® Chargi ngAssoci at i onNurber - Represents the charging association party number. This value is optional for AOC-E.
® Char gi ngAssoci ati onPl an - Integer representing the charging plan associated with the ChargingAssociationNumber. The value is
bits 7 through 1 of the Q.931 octet containing the type-of-number and numbering-plan-identification fields.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 75



Asterisk 14 ManagerAction_Atxfer
Atxfer

Synopsis

Attended transfer.

Description

Attended transfer.

Syntax

Action: Atxfer
Actionl D <val ue>
Channel : <val ue>
Exten: <val ue>
Context: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Channel - Transferer's channel.
® Ext en - Extension to transfer to.
® Cont ext - Context to transfer to.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_BlindTransfer
BlindTransfer

Synopsis

Blind transfer channel(s) to the given destination

Description

Redirect all channels currently bridged to the specified channel to the specified destination.

Syntax

Action: BlindTransfer
Channel : <val ue>
Context: <val ue>
Exten: <val ue>

Arguments
® Channel

® Cont ext
® Exten

See Also

® Asterisk 14 ManagerAction_Redirect

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_Bridge
Bridge

Synopsis

Bridge two channels already in the PBX.

Description

Bridge together two channels already in the PBX.

Syntax

Action: Bridge
Actionl D <val ue>
Channel 1: <val ue>
Channel 2: <val ue>
Tone: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
® Channel 1 - Channel to Bridge to Channel2.
® Channel 2 - Channel to Bridge to Channell.
®* Tone - Play courtesy tone to Channel 2.
® no
® Channel 1
® Channel 2
® Both

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_BridgeDestroy
BridgeDestroy

Synopsis

Destroy a bridge.

Description

Deletes the bridge, causing channels to continue or hang up.

Syntax

Action: BridgeDestroy
Actionl D <val ue>
BridgeUni quei d: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® BridgeUni quei d - The unique ID of the bridge to destroy.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_Bridgelnfo
Bridgelnfo

Synopsis

Get information about a bridge.

Description

Returns detailed information about a bridge and the channels in it.

Syntax

Action: Bridgelnfo
Actionl D <val ue>
BridgeUni quei d: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® BridgeUni quei d - The unique ID of the bridge about which to retrieve information.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_BridgeKick
BridgeKick

Synopsis

Kick a channel from a bridge.

Description

The channel is removed from the bridge.

Syntax

Action: BridgeKick
Actionl D <val ue>

[ Bri dgeUni quei d:] <val ue>
Channel : <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® BridgeUni quei d - The unique ID of the bridge containing the channel to destroy. This parameter can be omitted, or supplied to insure
that the channel is not removed from the wrong bridge.

® Channel - The channel to kick out of a bridge.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 81



Asterisk 14 ManagerAction_BridgeList
BridgeList

Synopsis

Get a list of bridges in the system.

Description

Returns a list of bridges, optionally filtering on a bridge type.

Syntax

Action: BridgelList
Actionl D <val ue>
Bri dgeType: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® BridgeType - Optional type for filtering the resulting list of bridges.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_BridgeTechnologyList
BridgeTechnologyList

Synopsis

List available bridging technologies and their statuses.

Description

Returns detailed information about the available bridging technologies.

Syntax

Action: BridgeTechnol ogyLi st
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_BridgeTechnologySuspend
BridgeTechnologySuspend

Synopsis

Suspend a bridging technology.

Description

Marks a bridging technology as suspended, which prevents subsequently created bridges from using it.

Syntax

Action: BridgeTechnol ogySuspend
Actionl D <val ue>
BridgeTechnol ogy: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® BridgeTechnol ogy - The name of the bridging technology to suspend.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_BridgeTechnologyUnsuspend
BridgeTechnologyUnsuspend

Synopsis

Unsuspend a bridging technology.

Description

Clears a previously suspended bridging technology, which allows subsequently created bridges to use it.

Syntax

Action: BridgeTechnol ogyUnsuspend
Actionl D <val ue>
BridgeTechnol ogy: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® BridgeTechnol ogy - The name of the bridging technology to unsuspend.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_Challenge
Challenge

Synopsis

Generate Challenge for MD5 Auth.

Description

Generate a challenge for MD5 authentication.

Syntax

Action: Chall enge
Actionl D <val ue>
Aut hType: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Aut hType - Digest algorithm to use in the challenge. Valid values are:
* MD5
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ChangeMonitor
ChangeMonitor

Synopsis

Change monitoring filename of a channel.

Description

This action may be used to change the file started by a previous 'Monitor' action.

Syntax

Action: ChangeMonitor
Actionl D <val ue>
Channel : <val ue>
File: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - Used to specify the channel to record.
® Fi | e - Is the new name of the file created in the monitor spool directory.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_Command
Command

Synopsis

Execute Asterisk CLI Command.

Description

Run a CLI command.

Syntax

Action: Command
Actionl D <val ue>
Command: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Command - Asterisk CLI command to run.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeKick
ConfbridgeKick

Synopsis
Kick a Confbridge user.
Description

Syntax

Action: ConfbridgeKick
Actionl D <val ue>

Conf erence: <val ue>
Channel : <val ue>

Arguments
® Actionl D- ActionID for this transaction. Will be returned.
® Conference

® Channel - If this parameter is "all, all channels will be kicked from the conference.
If this parameter is "participants"”, all non-admin channels will be kicked from the conference.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeList
ConfbridgeList

Synopsis

List participants in a conference.

Description

Lists all users in a particular ConfBridge conference. ConfbridgeList will follow as separate events, followed by a final event called ConfbridgeListComplete.

Syntax

Action: ConfbridgeList
Actionl D <val ue>
Conf erence: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conf er ence - Conference number.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 90



Asterisk 14 ManagerAction_ConfbridgeListRooms
ConfbridgeListRooms

Synopsis

List active conferences.

Description

Lists data about all active conferences. ConfbridgeListRooms will follow as separate events, followed by a final event called
ConfbridgeListRoomsComplete.

Syntax

Action: ConfbridgeLi st Roons
Actionl D: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeLock
ConfbridgeLock

Synopsis
Lock a Confbridge conference.
Description

Syntax

Action: ConfbridgeLock
Actionl D <val ue>
Conf erence: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conference

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeMute
ConfbridgeMute

Synopsis
Mute a Confbridge user.
Description

Syntax

Action: ConfbridgeMite
Actionl D <val ue>

Conf erence: <val ue>
Channel : <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Conference

® Channel - If this parameter is not a complete channel name, the first channel with this prefix will be used.
If this parameter is "all", all channels will be muted.
If this parameter is "participants”, all non-admin channels will be muted.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeSetSingleVideoSrc
ConfbridgeSetSingleVideoSrc

Synopsis
Set a conference user as the single video source distributed to all other participants.
Description

Syntax

Action: ConfbridgeSet Si ngl eVi deoSrc
Actionl D <val ue>

Conf erence: <val ue>

Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conference

® Channel - If this parameter is not a complete channel name, the first channel with this prefix will be used.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeStartRecord
ConfbridgeStartRecord

Synopsis

Start recording a Confbridge conference.

Description

Start recording a conference. If recording is already present an error will be returned. If RecordFile is not provided, the default record file specified in the

conference's bridge profile will be used, if that is not present either a file will automatically be generated in the monitor directory.

Syntax

Action: ConfbridgeStartRecord
Actionl D: <val ue>

Conf erence: <val ue>

[ RecordFil e:] <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conference
® RecordFile

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeStopRecord
ConfbridgeStopRecord

Synopsis
Stop recording a Confbridge conference.
Description

Syntax

Action: ConfbridgeSt opRecord
Actionl D <val ue>
Conf erence: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conference

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeUnlock
ConfbridgeUnlock

Synopsis
Unlock a Confbridge conference.
Description

Syntax

Action: ConfbridgeUnl ock
Actionl D <val ue>
Conf erence: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conference

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ConfbridgeUnmute
ConfbridgeUnmute

Synopsis
Unmute a Confbridge user.
Description

Syntax

Action: ConfbridgeUnnute
Actionl D <val ue>

Conf erence: <val ue>
Channel : <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Conference

® Channel - If this parameter is not a complete channel name, the first channel with this prefix will be used.
If this parameter is "all", all channels will be unmuted.
If this parameter is "participants"”, all non-admin channels will be unmuted.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerAction_ControlPlayback
ControlPlayback

Synopsis

Control the playback of a file being played to a channel.

Description

Control the operation of a media file being played back to a channel. Note that this AMI action does not initiate playback of media to channel, but rather
controls the operation of a media operation that was already initiated on the channel.

Note
The pause and r est art Control options will stop a playback operation if that operation was not initiated from the ControlPlayback application

or the control stream file AGI command.

Syntax

Action: Control Pl ayback
Actionl D <val ue>
Channel : <val ue>
Control: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
® Channel - The name of the channel that currently has a file being played back to it.
® Control
® st op - Stop the playback operation.
® forward - Move the current position in the media forward. The amount of time that the stream moves forward is determined by

the skipms value passed to the application that initiated the playback.
Note
The default skipms value is 3000 ms.

® rever se - Move the current position in the media backward. The amount of time that the stream moves backward is determined
by the skipms value passed to the application that initiated the playback.

Note
The default skipms value is 3000 ms.

® pause - Pause/unpause the playback operation, if supported. If not supported, stop the playback.
® restart - Restart the playback operation, if supported. If not supported, stop the playback.

See Also
® Asterisk 14 Application_Playback
® Asterisk 14 Application_ControlPlayback

® Asterisk 14 AGICommand_stream file
® Asterisk 14 AGICommand_control stream file

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_CoreSettings
CoreSettings

Synopsis

Show PBX core settings (version etc).

Description

Query for Core PBX settings.

Syntax

Action: CoreSettings
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_CoreShowChannels
CoreShowChannels

Synopsis

List currently active channels.

Description

List currently defined channels and some information about them.

Syntax

Action: CoreShowChannel s
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_CoreStatus
CoreStatus

Synopsis

Show PBX core status variables.

Description

Query for Core PBX status.

Syntax

Action: CoreStatus
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_CreateConfig
CreateConfig

Synopsis

Creates an empty file in the configuration directory.

Description

This action will create an empty file in the configuration directory. This action is intended to be used before an UpdateConfig action.

Syntax

Action: CreateConfig
Actionl D <val ue>
Fi | enane: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Fi | enane - The configuration filename to create (e.g. f 0o. conf).

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDIDialOffhook
DAHDIDialOffhook

Synopsis

Dial over DAHDI channel while offhook.

Description

Generate DTMF control frames to the bridged peer.

Syntax

Acti on: DAHDI Di al O f hook
Actionl D <val ue>

DAHDI Channel : <val ue>
Nunber: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® DAHDI Channel - DAHDI channel number to dial digits.
® Nunber - Digits to dial.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDIDNDoff
DAHDIDNDoff

Synopsis

Toggle DAHDI channel Do Not Disturb status OFF.

Description

Equivalent to the CLI command "dahdi set dnd channel off".

Note
Feature only supported by analog channels.

Syntax

Acti on: DAHDI DNDof f
Actionl D <val ue>
DAHDI Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® DAHDI Channel - DAHDI channel number to set DND off.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDIDNDon
DAHDIDNDon

Synopsis

Toggle DAHDI channel Do Not Disturb status ON.

Description

Equivalent to the CLI command "dahdi set dnd channel on".

Note
Feature only supported by analog channels.

Syntax

Acti on: DAHDI DNDon
Actionl D <val ue>
DAHDI Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® DAHDI Channel - DAHDI channel number to set DND on.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDIHangup
DAHDIHangup

Synopsis

Hangup DAHDI Channel.

Description

Simulate an on-hook event by the user connected to the channel.

Note
Valid only for analog channels.

Syntax

Action: DAHDI Hangup
Actionl D <val ue>
DAHDI Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® DAHDI Channel - DAHDI channel number to hangup.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDIRestart
DAHDIRestart

Synopsis

Fully Restart DAHDI channels (terminates calls).

Description

Equivalent to the CLI command "dahdi restart".

Syntax

Action: DAHDI Restart
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDIShowChannels
DAHDIShowChannels

Synopsis

Show status of DAHDI channels.

Description

Similar to the CLI command "dahdi show channels".

Syntax

Acti on: DAHDI ShowChannel s
Actionl D <val ue>
DAHDI Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® DAHDI Channel - Specify the specific channel number to show. Show all channels if zero or not present.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DAHDITransfer
DAHDITransfer

Synopsis

Transfer DAHDI Channel.

Description

Simulate a flash hook event by the user connected to the channel.

Note
Valid only for analog channels.

Syntax

Action: DAHDI Tr ansfer
Actionl D <val ue>
DAHDI Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® DAHDI Channel - DAHDI channel number to transfer.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerAction_DataGet
DataGet

Synopsis

Retrieve the data api tree.

Description

Retrieve the data api tree.

Syntax

Action: DataGet
Actionl D <val ue>
Pat h: <val ue>
Search: <val ue>
Filter: <value>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Pat h

Sear ch

Filter

See Also

Import Version
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Asterisk 14 ManagerAction_DBDel
DBDel

Synopsis
Delete DB entry.
Description

Syntax

Action: DBDel
Actionl D <val ue>
Fami ly: <val ue>
Key: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Famly
® Key

See Also

Import Version
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Asterisk 14 ManagerAction_DBDelTree
DBDelTree

Synopsis
Delete DB Tree.
Description

Syntax

Action: DBDel Tree
Actionl D <val ue>
Fami ly: <val ue>
Key: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Fanmily
® Key

See Also
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Asterisk 14 ManagerAction_DBGet
DBGet

Synopsis
Get DB Entry.
Description

Syntax

Action: DBGet
Actionl D <val ue>
Fami ly: <val ue>
Key: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Famly
® Key

See Also
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Asterisk 14 ManagerAction_DBPut
DBPut

Synopsis
Put DB entry.
Description

Syntax

Action: DBPut
Actionl D <val ue>
Fami ly: <val ue>
Key: <val ue>

Val : <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Fam |y

Key

Val

[ ]
[ ]
L]
L]
See Also
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Asterisk 14 ManagerAction_DeviceStateList
DeviceStateList

Synopsis

List the current known device states.

Description

This will list out all known device states in a sequence of DeviceStateChange events. When finished, a DeviceStateListComplete event will be emitted.

Syntax

Action: DeviceStateList
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

® Asterisk 14 ManagerEvent_DeviceStateChange
® Asterisk 14 Function_DEVICE_STATE
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Asterisk 14 ManagerAction_DialplanExtensionAdd
DialplanExtensionAdd

Synopsis
Add an extension to the dialplan
Description

Syntax

Action: Dial pl anExt ensi onAdd
Actionl D <val ue>

Cont ext: <val ue>

Ext ensi on: <val ue>

Priority: <val ue>
Application: <val ue>
[ApplicationData:] <val ue>

[ Repl ace:] <val ue>

Arguments
® Acti onl D- ActionID for this transaction. Will be returned.
® Cont ext - Context where the extension will be created. The context will be created if it does not already exist.
® Ext ensi on - Name of the extension that will be created (may include callerid match by separating with '/*)
® Priority - Priority being added to this extension. Must be either hi nt or a numerical value.
® Appl i cati on - The application to use for this extension at the requested priority
® ApplicationDat a - Arguments to the application.
®* Repl ace - If set to 'yes', '1', 'true' or any of the other values we evaluate as true, then if an extension already exists at the requested

context, extension, and priority it will be overwritten. Otherwise, the existing extension will remain and the action will fail.
See Also
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Asterisk 14 ManagerAction_DialplanExtensionRemove
DialplanExtensionRemove

Synopsis
Remove an extension from the dialplan
Description

Syntax

Action: Dial pl anExt ensi onRenove
Actionl D <val ue>

Cont ext: <val ue>

Ext ensi on: <val ue>

[Priority:] <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Cont ext - Context of the extension being removed
Ext ensi on - Name of the extension being removed (may include callerid match by separating with /)

[ ]
°
L]
® Priority -If provided, only remove this priority from the extension instead of all priorities in the extension.

See Also
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Asterisk 14 ManagerAction_Events
Events

Synopsis

Control Event Flow.

Description

Enable/Disable sending of events to this manager client.

Syntax

Action: Events
Actionl D <val ue>
Event Mask: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Event Mask
® on - If all events should be sent.
® of f - If no events should be sent.
® systemcall,log, ... - Toselect which flags events should have to be sent.

See Also
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Asterisk 14 ManagerAction_ExtensionState
ExtensionState

Synopsis

Check Extension Status.

Description
Report the extension state for given extension. If the extension has a hint, will use devicestate to check the status of the device connected to the extension.

Will return an Ext ensi on St at us message. The response will include the hint for the extension and the status.

Syntax

Action: ExtensionState
Actionl D <val ue>
Exten: <val ue>
Context: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Ext en - Extension to check state on.
® Cont ext - Context for extension.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 120



Asterisk 14 ManagerAction_ExtensionStateList
ExtensionStatelList

Synopsis

List the current known extension states.

Description

This will list out all known extension states in a sequence of ExtensionStatus events. When finished, a ExtensionStateListComplete event will be emitted.

Syntax

Action: ExtensionStateList
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
® Asterisk 14 ManagerAction_ExtensionState

® Asterisk 14 Function_HINT
® Asterisk 14 Function_ EXTENSION_STATE

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 121



Asterisk 14 ManagerAction_FAXSession
FAXSession

Synopsis
Responds with a detailed description of a single FAX session

Description

Provides details about a specific FAX session. The response will include a common subset of the output from the CLI command ‘fax show session
<session_number>' for each technology. If the FAX technolgy used by this session does not include a handler for FAXSession, then this action will fail.

Syntax

Action: FAXSession
Actionl D: <val ue>
Sessi onNunber: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Sessi onNunber - The session ID of the fax the user is interested in.

See Also
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Asterisk 14 ManagerAction_FAXSessions
FAXSessions

Synopsis

Lists active FAX sessions

Description

Will generate a series of FAXSession events with information about each FAXSession. Closes with a FAXSessionsComplete event which includes a count
of the included FAX sessions. This action works in the same manner as the CLI command 'fax show sessions'

Syntax

Action: FAXSessions
Actionl D: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_FAXStats
FAXStats

Synopsis
Responds with fax statistics

Description

Provides FAX statistics including the number of active sessions, reserved sessions, completed sessions, failed sessions, and the number of
receive/transmit attempts. This command provides all of the non-technology specific information provided by the CLI command ‘fax show stats'

Syntax

Action: FAXStats
Actionl D: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_Filter
Filter

Synopsis

Dynamically add filters for the current manager session.

Description

The filters added are only used for the current session. Once the connection is closed the filters are removed.

This comand requires the system permission because this command can be used to create filters that may bypass filters defined in manager.conf

Syntax

Action: Filter
Actionl D <val ue>
Oper ation: <val ue>
Filter: <value>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® (peration
® Add - Add a filter.
® Filter - Filters can be whitelist or blacklist
Example whitelist filter: "Event: Newchannel”
Example blacklist filter: "!Channel: DAHDI.*"
This filter option is used to whitelist or blacklist events per user to be reported with regular expressions and are allowed if both the regex
matches and the user has read access as defined in manager.conf. Filters are assumed to be for whitelisting unless preceeded by an
exclamation point, which marks it as being black. Evaluation of the filters is as follows:

If no filters are configured all events are reported as normal.

If there are white filters only: implied black all filter processed first, then white filters.

If there are black filters only: implied white all filter processed first, then black filters.

If there are both white and black filters: implied black all filter processed first, then white filters, and lastly black filters.

See Also
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Asterisk 14 ManagerAction_FilterList
FilterList

Synopsis

Show current event filters for this session

Description

The filters displayed are for the current session. Only those filters defined in manager.conf will be present upon starting a new session.

Syntax
See Also
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Asterisk 14 ManagerAction_GetConfig
GetConfig

Synopsis

Retrieve configuration.

Description

This action will dump the contents of a configuration file by category and contents or optionally by specified category only. In the case where a category
name is non-unique, a filter may be specified to match only categories with matching variable values.

Syntax

Action: GetConfig
Actionl D: <val ue>
Fil ename: <val ue>
Category: <val ue>
Filter: <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.

Fi | enane - Configuration filename (e.g. f 0o. conf).

Cat egory - Category in configuration file.

Fi | t er - A comma separated list of name_regex=value_regex expressions which will cause only categories whose variables match all
expressions to be considered. The special variable name TEMPLATES can be used to control whether templates are included. Passing i n
cl ude as the value will include templates along with normal categories. Passing r estri ct as the value will restrict the operation to
ONLY templates. Not specifying a TEMPLATES expression results in the default behavior which is to not include templates.

See Also
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Asterisk 14 ManagerAction_GetConfigJSON

GetConfigJSON

Synopsis

Retrieve configuration (JSON format).

Description

This action will dump the contents of a configuration file by category and contents in JSON format or optionally by specified category only. This only makes
sense to be used using rawman over the HTTP interface. In the case where a category name is non-unique, a filter may be specified to match only
categories with matching variable values.

Syntax

Action: GetConfigJSON
Actionl D <val ue>

Fi | enane: <val ue>

Cat egory: <val ue>
Filter: <value>

Arguments

Act i onl D- ActionlD for this transaction. Will be returned.

Fi | enane - Configuration filename (e.g. f 0o. conf).

Cat egory - Category in configuration file.

Fi | t er - A comma separated list of name_regex=value_regex expressions which will cause only categories whose variables match all
expressions to be considered. The special variable name TEMPLATES can be used to control whether templates are included. Passing i n
cl ude as the value will include templates along with normal categories. Passing r estri ct as the value will restrict the operation to
ONLY templates. Not specifying a TEMPLATES expression results in the default behavior which is to not include templates.

See Also
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Asterisk 14 ManagerAction_Getvar
Getvar

Synopsis

Gets a channel variable or function value.

Description

Get the value of a channel variable or function return.

Note

If a channel name is not provided then the variable is considered global.

Syntax

Action: Getvar
Actionl D <val ue>
Channel : <val ue>
Vari abl e: <val ue>

Arguments

® Acti onl D- ActionlD for this transaction. Will be returned.
® Channel - Channel to read variable from.
® Vari abl e - Variable name, function or expression.

See Also
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Asterisk 14 ManagerAction_Hangup
Hangup

Synopsis

Hangup channel.

Description

Hangup a channel.

Syntax

Action: Hangup
Actionl D <val ue>
Channel : <val ue>
Cause: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Channel - The exact channel name to be hungup, or to use a regular expression, set this parameter to: /regex/
Example exact channel: SIP/provider-0000012a
Example regular expression: /SIP/provider-.*$/

® Cause - Numeric hangup cause.

See Also
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Asterisk 14 ManagerAction_lAXnetstats
IAXnetstats

Synopsis

Show IAX Netstats.

Description

Show IAX channels network statistics.

Syntax

Action: | AXnetstats

Arguments

See Also
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Asterisk 14 ManagerAction_|IAXpeerlist
IAXpeerlist

Synopsis

List IAX Peers.

Description

List all the IAX peers.

Syntax

Action: | AXpeerli st
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_IAXpeers
IAXpeers

Synopsis
List IAX peers.
Description

Syntax

Action: | AXpeers
Actionl D <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_IAXregistry
IAXregistry

Synopsis

Show IAX registrations.

Description

Show IAX registrations.

Syntax

Action: | AXregistry
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_JabberSend_res_xmpp
JabberSend - [res_xmpp]

Synopsis

Sends a message to a Jabber Client.

Description

Sends a message to a Jabber Client.

Syntax

Action: Jabber Send
Actionl D <val ue>
Jabber: <val ue>
JID: <val ue>
Message: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
® Jabber - Client or transport Asterisk uses to connect to JABBER.
¢ JI D- XMPP/Jabber JID (Name) of recipient.
® Message - Message to be sent to the buddy.

See Also
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Asterisk 14 ManagerAction_ListCategories
ListCategories

Synopsis

List categories in configuration file.

Description

This action will dump the categories in a given file.

Syntax

Action: ListCategories
Actionl D <val ue>
Fi | enane: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Fi | enane - Configuration filename (e.g. f 0o. conf).

See Also
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Asterisk 14 ManagerAction_ListCommands
ListCommands

Synopsis

List available manager commands.

Description

Returns the action name and synopsis for every action that is available to the user.

Syntax

Action: ListComands
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 137



Asterisk 14 ManagerAction_LocalOptimizeAway
LocalOptimizeAway

Synopsis

Optimize away a local channel when possible.

Description

A local channel created with "/n" will not automatically optimize away. Calling this command on the local channel will clear that flag and allow it to optimize
away if it's bridged or when it becomes bridged.

Syntax

Action: Local Optimi zeAnay
Actionl D <val ue>
Channel : <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - The channel name to optimize away.

See Also
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Asterisk 14 ManagerAction_LoggerRotate
LoggerRotate

Synopsis

Reload and rotate the Asterisk logger.

Description

Reload and rotate the logger. Analogous to the CLI command 'logger rotate'.

Syntax

Action: LoggerRotate
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_Login
Login

Synopsis

Login Manager.

Description

Login Manager.

Syntax

Action: Login
Actionl D <val ue>
User nane: <val ue>
Secret: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® User nane - Username to login with as specified in manager.conf.
® Secret - Secret to login with as specified in manager.conf.
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Asterisk 14 ManagerAction_Logoff
Logoff

Synopsis

Logoff Manager.

Description

Logoff the current manager session.

Syntax

Action: Logoff
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_MailboxCount
MailboxCount

Synopsis

Check Mailbox Message Count.

Description

Checks a voicemail account for new messages.
Returns number of urgent, new and old messages.
Message: Mailbox Message Count

Mailbox: mailboxid

UrgentMessages: count

NewMessages: count

OldMessages: count

Syntax

Action: Mail boxCount
Actionl D: <val ue>
Mai | box: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Mai | box - Full mailbox ID mailbox@vm-context.

See Also
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Asterisk 14 ManagerAction_MailboxStatus
MailboxStatus

Synopsis

Check mailbox.

Description

Checks a voicemail account for status.
Returns whether there are messages waiting.
Message: Mailbox Status.

Mailbox: mailboxid.

Waiting: 0 if messages waiting, 1 if no messages waiting.

Syntax

Action: Mail boxStatus
Actionl D <val ue>
Mai | box: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Mi | box - Full mailbox ID mailbox@vm-context.

See Also
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Asterisk 14 ManagerAction_MeetmelList
MeetmeList

Synopsis

List participants in a conference.

Description

Lists all users in a particular MeetMe conference. MeetmelList will follow as separate events, followed by a final event called MeetmeListComplete.

Syntax

Action: Meet meLi st
Actionl D <val ue>
[ Conference:] <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Conf er ence - Conference number.

See Also
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Asterisk 14 ManagerAction_MeetmeListRooms
MeetmeListRooms

Synopsis

List active conferences.

Description

Lists data about all active conferences. MeetmeListRooms will follow as separate events, followed by a final event called MeetmeListRoomsComplete.

Syntax

Action: Meet meLi st Roons
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_MeetmeMute
MeetmeMute

Synopsis
Mute a Meetme user.
Description

Syntax

Action: MeetneMite
Actionl D <val ue>
Meet me: <val ue>
Usernum <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Meet ne
® Usernum
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Asterisk 14 ManagerAction_MeetmeUnmute
MeetmeUnmute

Synopsis
Unmute a Meetme user.
Description

Syntax

Action: MeetneUnnute
Actionl D <val ue>
Meet me: <val ue>
Usernum <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Meet ne
® Usernum

See Also
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Asterisk 14 ManagerAction_MessageSend
MessageSend

Synopsis
Send an out of call message to an endpoint.
Description

Syntax

Action: MessageSend
Actionl D <val ue>
To: <val ue>

From <val ue>

Body: <val ue>
Base64Body: <val ue>
Vari abl e: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® To - The URI the message is to be sent to.
® Technology: PJSIP
Specifying a prefix of pj si p: will send the message as a SIP MESSAGE request.
® Technology: SIP
Specifying a prefix of si p: will send the message as a SIP MESSAGE request.
® Technology: XMPP
Specifying a prefix of xnmpp: will send the message as an XMPP chat message.
®* From- A From URI for the message if needed for the message technology being used to send this message.
® Technology: PJSIP
The f r omparameter can be a configured endpoint or in the form of "display-name" <URI>.
® Technology: SIP
The f r omparameter can be a configured peer name or in the form of "display-name" <URI>.
® Technology: XMPP
Specifying a prefix of xnmpp: will specify the account defined in xnmpp. conf to send the message from. Note that this field is
required for XMPP messages.
® Body - The message body text. This must not contain any newlines as that conflicts with the AMI protocol.
® Base64Body - Text bodies requiring the use of newlines have to be base64 encoded in this field. Base64Body will be decoded before
being sent out. Base64Body takes precedence over Body.
® Vari abl e - Message variable to set, multiple Variable: headers are allowed. The header value is a comma separated list of name=value
pairs.
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Asterisk 14 ManagerAction_MixMonitor
MixMonitor

Synopsis

Record a call and mix the audio during the recording. Use of StopMixMonitor is required to guarantee the audio file is available for processing during
dialplan execution.

Description
This action records the audio on the current channel to the specified file.

* M XMONI TOR_FI LENAME - Will contain the filename used to record the mixed stream.

Syntax

Action: M xMoni tor
Actionl D: <val ue>
Channel : <val ue>
File: <val ue>
options: <val ue>
Command: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.

® Channel - Used to specify the channel to record.

® Fil e - Is the name of the file created in the monitor spool directory. Defaults to the same name as the channel (with slashes replaced
with dashes). This argument is optional if you specify to record unidirectional audio with either the r(filename) or t(filename) options in the
options field. If neither MIXMONITOR_FILENAME or this parameter is set, the mixed stream won't be recorded.

® opti ons - Options that apply to the MixMonitor in the same way as they would apply if invoked from the MixMonitor application. For a list

of available options, see the documentation for the mixmonitor application.
® Command - Will be executed when the recording is over. Any strings matching ~{ X} will be unescaped to X. All variables will be evaluated

at the time MixMonitor is called.
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Asterisk 14 ManagerAction_MixMonitorMute
MixMonitorMute

Synopsis

Mute / unMute a Mixmonitor recording.

Description

This action may be used to mute a MixMonitor recording.

Syntax

Action: M xMonitorMite
Actionl D <val ue>
Channel : <val ue>
Direction: <val ue>
State: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.

® Channel - Used to specify the channel to mute.

® Direction - Which part of the recording to mute: read, write or both (from channel, to channel or both channels).
® State - Turn mute on or off : 1 to turn on, O to turn off.

See Also
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Asterisk 14 ManagerAction_ModuleCheck
ModuleCheck

Synopsis

Check if module is loaded.

Description

Checks if Asterisk module is loaded. Will return Success/Failure. For success returns, the module revision number is included.

Syntax

Action: Mdul eCheck
Actionl D <val ue>
Mbdul e: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Mbdul e - Asterisk module name (not including extension).

See Also
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Asterisk 14 ManagerAction_ModuleLoad

ModuleLoad
Synopsis
Module management.

Description

Loads, unloads or reloads an Asterisk module in a running system.

Syntax

Action: Mdul eLoad
Actionl D <val ue>
Mbdul e: <val ue>

LoadType: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Mbdul e - Asterisk module name (including .so extension) or subsystem identifier:
cdr

dnsngr

extconfig

enum

acl

nmanager

http

| ogger

features

dsp

udpt |

i ndi cati ons

cel

® plc

® LoadType - The operation to be done on module. Subsystem identifiers may only be reloaded.

® |l oad
® unl oad
® rel oad
If no module is specified for a r el oad loadtype, all modules are reloaded.

See Also
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Asterisk 14 ManagerAction_Monitor
Monitor

Synopsis

Monitor a channel.

Description

This action may be used to record the audio on a specified channel.

Syntax

Action: Monitor
Actionl D <val ue>
Channel : <val ue>
File: <val ue>
Format: <val ue>
M x: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - Used to specify the channel to record.

® Fi | e - Is the name of the file created in the monitor spool directory. Defaults to the same name as the channel (with slashes replaced

with dashes).
® For mat - Is the audio recording format. Defaults to wav.
® M x - Boolean parameter as to whether to mix the input and output channels together after the recording is finished.

See Also
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Asterisk 14 ManagerAction_MuteAudio
MuteAudio

Synopsis

Mute an audio stream.

Description

Mute an incoming or outgoing audio stream on a channel.

Syntax

Action: MiteAudi o
Actionl D <val ue>
Channel : <val ue>
Direction: <val ue>
State: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
® Channel - The channel you want to mute.
® Direction
® i n - Set muting on inbound audio stream. (to the PBX)
® out - Set muting on outbound audio stream. (from the PBX)
® al |l - Set muting on inbound and outbound audio streams.
® State
® on - Turn muting on.
® of f - Turn muting off.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 154



Asterisk 14 ManagerAction_MWIDelete
MWIDelete

Synopsis

Delete selected mailboxes.

Description

Delete the specified mailboxes.

Syntax

Action: MN Del ete
Actionl D <val ue>
Mai | box: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Mi | box - Mailbox ID in the form of / regex/ for all mailboxes matching the regular expression. Otherwise it is for a specific mailbox.

See Also
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Asterisk 14 ManagerAction_MWIGet
MWIGet

Synopsis

Get selected mailboxes with message counts.

Description

Get a list of mailboxes with their message counts.

Syntax

Action: MA Get
Actionl D <val ue>
Mai | box: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Mi | box - Mailbox ID in the form of / regex/ for all mailboxes matching the regular expression. Otherwise it is for a specific mailbox.

See Also
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Asterisk 14 ManagerAction_MWIUpdate
MWIUpdate

Synopsis

Update the mailbox message counts.

Description

Update the mailbox message counts.

Syntax

Action: MA Update
Actionl D <val ue>

Mai | box: <val ue>

d dMessages: <val ue>
NewMessages: <val ue>

Arguments
® Actionl D- ActionlD for this transaction. Will be returned.
® Mi | box - Specific mailbox ID.
® (A dMessages - The number of old messages in the mailbox. Defaults to zero if missing.
L]

Newlessages - The number of new messages in the mailbox. Defaults to zero if missing.

See Also
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Asterisk 14 ManagerAction_Originate
Originate

Synopsis

Originate a call.

Description

Generates an outgoing call to a Extension/Context/Priority or Application/Data

Syntax

Action: Originate
Actionl D <val ue>
Channel : <val ue>
Exten: <val ue>
Context: <val ue>
Priority: <value>
Application: <val ue>
Data: <val ue>

Ti meout: <val ue>
Callerl D <val ue>
Vari abl e: <val ue>
Account: <val ue>

Ear| yMedi a: <val ue>
Async: <val ue>
Codecs: <val ue>
Channel I d: <val ue>
Q her Channel | d:  <val ue>

Arguments

Act i onl D- ActionlD for this transaction. Will be returned.

Channel - Channel name to call.

Ext en - Extension to use (requires Cont ext and Priority)

Cont ext - Context to use (requires Ext en and Pri ority)

Priority - Priority to use (requires Ext en and Cont ext )

Appl i cati on - Application to execute.

Dat a - Data to use (requires Appl i cat i on).

Ti meout - How long to wait for call to be answered (in ms.).

Cal | er | D- Caller ID to be set on the outgoing channel.

Var i abl e - Channel variable to set, multiple Variable: headers are allowed.
Account - Account code.

Ear | yMedi a - Setto t r ue to force call bridge on early media..

Async - Set to t r ue for fast origination.

Codecs - Comma-separated list of codecs to use for this call.

Channel | d - Channel Uniqueld to be set on the channel.

G her Channel | d - Channel Uniqueld to be set on the second local channel.

See Also

® Asterisk 14 ManagerEvent_OriginateResponse

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

158



Asterisk 14 ManagerAction_Park

Park
Synopsis
Park a channel.

Description

Park an arbitrary channel with optional arguments for specifying the parking lot used, how long the channel should remain parked, and what dial string to
use as the parker if the call times out.

Syntax

Action: Park

Actionl D <val ue>

Channel : <val ue>

[ Ti meout Channel : ] <val ue>
[ AnnounceChannel :] <val ue>
[ Ti meout:] <val ue>

[ Parkinglot:] <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Channel - Channel name to park.

® Ti meout Channel - Channel name to use when constructing the dial string that will be dialed if the parked channel times out. If Ti meou
t Channel is in a two party bridge with Channel , then Ti meout Channel will receive an announcement and be treated as having
parked Channel in the same manner as the Park Call DTMF feature.

® AnnounceChannel - If specified, then this channel will receive an announcement when Channel is parked if AnnounceChannel isin a
state where it can receive announcements (AnnounceChannel must be bridged). AnnounceChannel has no bearing on the actual state
of the parked call.

* Ti neout - Overrides the timeout of the parking lot for this park action. Specified in milliseconds, but will be converted to seconds. Use a
value of 0 to disable the timeout.

® Par ki ngl ot - The parking lot to use when parking the channel

See Also
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Asterisk 14 ManagerAction_ParkedCalls
ParkedCalls

Synopsis

List parked calls.

Description

List parked calls.

Syntax

Action: ParkedCalls
Actionl D <val ue>
Par ki ngLot: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Par ki ngLot - If specified, only show parked calls from the parking lot with this name.

See Also
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Asterisk 14 ManagerAction_Parkinglots
Parkinglots

Synopsis

Get a list of parking lots

Description

List all parking lots as a series of AMI events

Syntax

Action: Parkinglots
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_PauseMonitor
PauseMonitor

Synopsis

Pause monitoring of a channel.

Description

This action may be used to temporarily stop the recording of a channel.

Syntax

Action: PauseMonitor
Actionl D <val ue>
Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Channel - Used to specify the channel to record.

See Also
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Asterisk 14 ManagerAction_Ping
Ping

Synopsis

Keepalive command.

Description

A 'Ping' action will ellicit a 'Pong' response. Used to keep the manager connection open.

Syntax

Action: Ping
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_PJSIPNotify
PJSIPNotify

Synopsis

Send a NOTIFY to either an endpoint or an arbitrary URI.

Description

Sends a NOTIFY to an endpoint or an arbitrary URI.

All parameters for this event must be specified in the body of this requestvia multiple Var i abl e: nanme=val ue sequences.

Note
One (and only one) of Endpoi nt or URI must be specified. If UR is used, thedefault outbound endpoint will be used to send the message. If

the default outbound endpoint isn't configured, this command can not send to an arbitrary URI.

Syntax

Action: PJSIPNotify
Actionl D: <val ue>

[ Endpoi nt:] <val ue>
[URI:] <val ue>

Vari abl e: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Endpoi nt - The endpoint to which to send the NOTIFY.

® URI - Abritrary URI to which to send the NOTIFY.

® Vari abl e - Appends variables as headers/content to the NOTIFY. If the variable is named Cont ent , then the value will compose the
body of the message if another variable sets Cont ent - Type. name=value

See Also
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Asterisk 14 ManagerAction_PJSIPQualify
PJSIPQualify

Synopsis

Qualify a chan_pjsip endpoint.

Description

Qualify a chan_pjsip endpoint.

Syntax

Action: PJSIPQualify
Actionl D <val ue>
Endpoi nt: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Endpoi nt - The endpoint you want to qualify.

See Also
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Asterisk 14 ManagerAction_PJSIPRegister
PJSIPRegister

Synopsis

Register an outbound registration.

Description

Unregisters the specified outbound registration then starts registration and schedules re-registrations according to configuration. future registrations.

Syntax

Action: PJSIPRegi ster
Actionl D <val ue>
Regi stration: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Regi stration - The outbound registration to register.

See Also
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Asterisk 14 ManagerAction_PJSIPShowEndpoint
PJSIPShowEndpoint

Synopsis

Detail listing of an endpoint and its objects.

Description

Provides a detailed listing of options for a given endpoint. Events are issued showing the configuration and status of the endpoint and associated objects.
These events include Endpoi nt Det ai | , Aor Det ai | , Aut hDet ai | , Transport Detai |l ,and | denti f yDet ai | . Some events may be listed multiple
times if multiple objects are associated (for instance AoRs). Once all detail events have been raised a final Endpoi nt Det ai | Conpl et e event is issued.

Syntax

Action: PJSI PShowEndpoi nt
Actionl D <val ue>
Endpoi nt: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Endpoi nt - The endpoint to list.

See Also
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Asterisk 14 ManagerAction_PJSIPShowEndpoints
PJSIPShowEndpoints

Synopsis

Lists PJSIP endpoints.

Description

Provides a listing of all endpoints. For each endpoint an Endpoi nt Li st event is raised that contains relevant attributes and status information. Once all
endpoints have been listed an Endpoi nt Li st Conpl et e event is issued.

Syntax

Action: PJSI PShowEndpoi nt's

Arguments

See Also
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Asterisk 14 ManagerAction_PJSIPShowRegistrationsinbound
PJSIPShowRegistrationsinbound

Synopsis

Lists PJSIP inbound registrations.

Description

In response | nboundRegi strati onDet ai | events showing configuration and status information are raised for each inbound registration object. As well
as Aut hDet ai | events for each associated auth object. Once all events are completed an | nboundRegi st rati onDet ai | Conpl et e is issued.

Syntax

Action: PJSI PShowRegi st rationsl nbound

Arguments

See Also
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Asterisk 14 ManagerAction_PJSIPShowRegistrationsOutbound
PJSIPShowRegistrationsOutbound

Synopsis

Lists PJSIP outbound registrations.

Description

In response Qut boundRegi strati onDet ai | events showing configuration and status information are raised for each outbound registration object. Aut h
Det ai | events are raised for each associated auth object as well. Once all events are completed an Qut boundRegi strati onDet ai | Conpl et e is

issued.

Syntax

Action: PJSI PShowRegi strati onsQut bound

Arguments

See Also
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Asterisk 14 ManagerAction_PJSIPShowResourceLists
PJSIPShowResourceLists

Synopsis

Displays settings for configured resource lists.

Description

Provides a listing of all resource lists. An event Resour ceLi st Det ai | is issued for each resource list object. Once all detail events are completed a Reso
ur ceLi st Det ai | Conpl et e event is issued.

Syntax

Action: PJSI PShowResour celi sts

Arguments

See Also
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Asterisk 14 ManagerAction_PJSIPShowSubscriptionsinbound
PJSIPShowSubscriptionsinbound

Synopsis

Lists subscriptions.

Description

Provides a listing of all inbound subscriptions. An event | nboundSubscri pti onDet ai | is issued for each subscription object. Once all detail events are
completed an | nboundSubscri pti onDet ai | Conpl et e event is issued.

Syntax

Action: PJSI PShowSubscri ptionsl nbound

Arguments

See Also
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Asterisk 14 ManagerAction_PJSIPShowSubscriptionsOutbound
PJSIPShowSubscriptionsOutbound

Synopsis

Lists subscriptions.

Description

Provides a listing of all outbound subscriptions. An event Qut boundSubscri pti onDet ai | is issued for each subscription object. Once all detail events
are completed an Qut boundSubscri pti onDet ai | Conpl et e event is issued.

Syntax

Action: PJSI PShowSubscri pti onsQut bound

Arguments

See Also
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Asterisk 14 ManagerAction_PJSIPUnregister
PJSIPUnregister

Synopsis

Unregister an outbound registration.

Description

Unregisters the specified outbound registration and stops future registration attempts. Call PJSIPRegister to start registration and schedule re-registrations
according to configuration.

Syntax

Action: PJSIPUnregister
Actionl D <val ue>
Regi stration: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Regi stration - The outbound registration to unregister.

See Also
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Asterisk 14 ManagerAction_PlayDTMF
PlayDTMF

Synopsis

Play DTMF signal on a specific channel.

Description

Plays a dtmf digit on the specified channel.

Syntax

Action: Pl ayDTMF
Actionl D <val ue>
Channel : <val ue>
Digit: <val ue>
[Duration:] <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Channel - Channel name to send digit to.

Di gi t - The DTMF digit to play.

Dur at i on - The duration, in milliseconds, of the digit to be played.

See Also
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Asterisk 14 ManagerAction_PresenceState
PresenceState

Synopsis
Check Presence State

Description

Report the presence state for the given presence provider.

Will return a Presence St at e message. The response will include the presence state and, if set, a presence subtype and custom message.

Syntax

Action: PresenceState
Actionl D <val ue>
Provi der: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Provi der - Presence Provider to check the state of

See Also
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Asterisk 14 ManagerAction_PresenceStateList
PresenceStateList

Synopsis

List the current known presence states.

Description

This will list out all known presence states in a sequence of PresenceStateChange events. When finished, a PresenceStateListComplete event will be
emitted.

Syntax

Action: PresenceStatelist
Actionl D: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
® Asterisk 14 ManagerAction_PresenceState

® Asterisk 14 ManagerEvent_PresenceStatus
® Asterisk 14 Function_ PRESENCE_STATE

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 177



Asterisk 14 ManagerAction_PRIDebugFileSet
PRIDebugFileSet

Synopsis

Set the file used for PRI debug message output

Description

Equivalent to the CLI command "pri set debug file <output-file>"

Syntax

Action: PRI DebugFi | eSet
Actionl D <val ue>
File: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Fil e - Path of file to write debug output.

See Also
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Asterisk 14 ManagerAction_PRIDebugFileUnset
PRIDebugFileUnset

Synopsis
Disables file output for PRI debug messages
Description

Syntax

Action: PRI DebugFil eUnset
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
See Also
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Asterisk 14 ManagerAction_PRIDebugSet
PRIDebugSet

Synopsis

Set PRI debug levels for a span

Description

Equivalent to the CLI command "pri set debug <level> span <span>".

Syntax

Action: PRI DebugSet
Actionl D <val ue>
Span: <val ue>

Level : <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Span - Which span to affect.

® Level - What debug level to set. May be a numerical value or a text value from the list below
of f

on

hex

i ntense

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 180



Asterisk 14 ManagerAction_PRIShowSpans
PRIShowSpans

Synopsis

Show status of PRI spans.

Description

Similar to the CLI command "pri show spans".

Syntax

Action: PRI ShowSpans
Actionl D <val ue>
Span: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Span - Specify the specific span to show. Show all spans if zero or not present.

See Also
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Asterisk 14 ManagerAction_QueueAdd

QueueAdd
Synopsis

Add interface to queue.
Description

Syntax

Action: QueueAdd
Actionl D <val ue>
Queue: <val ue>
Interface: <val ue>
Penal ty: <val ue>
Paused: <val ue>

Menber Name: <val ue>
Statel nterface: <val ue>

Arguments

Queue - Queue's name.

® Statelnterface
See Also
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Act i onl D- ActionID for this transaction. Will be returned.

I nt er f ace - The name of the interface (tech/name) to add to the queue.

Penal ty - A penalty (number) to apply to this member. Asterisk will distribute calls to members with higher penalties only after
attempting to distribute calls to those with lower penalty.

Paused - To pause or not the member initially (true/false or 1/0).

* Member Name - Text alias for the interface.
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Asterisk 14 ManagerAction_QueuelLog
QueuelLog

Synopsis
Adds custom entry in queue_log.
Description

Syntax

Action: QueuelLog
Actionl D <val ue>
Queue: <val ue>
Event: <val ue>

Uni quei d: <val ue>
Interface: <val ue>
Message: <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Queue

Event

Uni quei d

Interface

Message

See Also
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Asterisk 14 ManagerAction_QueueMemberRingInUse
QueueMemberRingInUse

Synopsis
Set the ringinuse value for a queue member.
Description

Syntax

Action: QueueMenber Ri ngl nUse
Actionl D <val ue>

Interface: <value>

Ri ngl nUse: <val ue>

Queue: <val ue>

Arguments
® Acti onl D- ActionID for this transaction. Will be returned.
® Interface
® Ringl nUse
® Queue

See Also
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Asterisk 14 ManagerAction_QueuePause
QueuePause

Synopsis

Makes a queue member temporarily unavailable.

Description

Pause or unpause a member in a queue.

Syntax

Action: QueuePause
Actionl D <val ue>
Interface: <val ue>
Paused: <val ue>
Queue: <val ue>
Reason: <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.

I nt er f ace - The name of the interface (tech/name) to pause or unpause.

Paused - Pause or unpause the interface. Set to 'true’ to pause the member or ‘'false' to unpause.

Queue - The name of the queue in which to pause or unpause this member. If not specified, the member will be paused or unpaused in
all the queues it is a member of.

® Reason - Text description, returned in the event QueueMemberPaused.

See Also
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Asterisk 14 ManagerAction_QueuePenalty
QueuePenalty

Synopsis

Set the penalty for a queue member.

Description

Change the penalty of a queue member

Syntax

Action: QueuePenal ty
Actionl D <val ue>
Interface: <val ue>
Penal ty: <val ue>
Queue: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.

® | nterface - The interface (tech/name) of the member whose penalty to change.

® Penal ty - The new penalty (number) for the member. Must be nonnegative.

® Queue - If specified, only set the penalty for the member of this queue. Otherwise, set the penalty for the member in all queues to which
the member belongs.

See Also
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Asterisk 14 ManagerAction_QueueReload
QueueReload

Synopsis
Reload a queue, queues, or any sub-section of a queue or queues.
Description

Syntax

Action: QueueRel oad
Actionl D <val ue>
Queue: <val ue>
Menbers: <val ue>
Rul es: <val ue>

Par ameters: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Queue - The name of the queue to take action on. If no queue name is specified, then all queues are affected.
® Menber s - Whether to reload the queue's members.
® yes
® no
® Rul es - Whether to reload queuerules.conf
® yes
® no
® Par anet er s - Whether to reload the other queue options.
® yes
® no

See Also
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Asterisk 14 ManagerAction_QueueRemove
QueueRemove

Synopsis
Remove interface from queue.
Description

Syntax

Action: QueueRenove
Actionl D <val ue>
Queue: <val ue>
Interface: <val ue>

Arguments

® Acti onl D- ActionlD for this transaction. Will be returned.
® Queue - The name of the queue to take action on.
® | nterface - The interface (tech/name) to remove from queue.

See Also
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Asterisk 14 ManagerAction_QueueReset
QueueReset

Synopsis

Reset queue statistics.

Description

Reset the statistics for a queue.

Syntax

Action: QueueReset
Actionl D <val ue>
Queue: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Queue - The name of the queue on which to reset statistics.

See Also
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Asterisk 14 ManagerAction_QueueRule
QueueRule

Synopsis

Queue Rules.

Description

List queue rules defined in queuerules.conf

Syntax

Action: QueueRul e
Actionl D <val ue>
Rul e: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Rul e - The name of the rule in queuerules.conf whose contents to list.

See Also
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Asterisk 14 ManagerAction_Queues
Queues

Synopsis

Queues.

Description

Show queues information.

Syntax

Action: Queues

Arguments

See Also
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Asterisk 14 ManagerAction_QueueStatus
QueueStatus

Synopsis

Show queue status.

Description

Check the status of one or more queues.

Syntax

Action: QueueStatus
Actionl D <val ue>
Queue: <val ue>
Menber: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Queue - Limit the response to the status of the specified queue.
® Menber - Limit the response to the status of the specified member.

See Also
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Asterisk 14 ManagerAction_QueueSummary
QueueSummary

Synopsis

Show queue summary.

Description

Request the manager to send a QueueSummary event.

Syntax

Action: QueueSummary
Actionl D <val ue>
Queue: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Queue - Queue for which the summary is requested.

See Also
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Asterisk 14 ManagerAction_Redirect
Redirect

Synopsis

Redirect (transfer) a call.

Description

Redirect (transfer) a call.

Syntax

Action: Redirect
Actionl D <val ue>
Channel : <val ue>
ExtraChannel : <val ue>
Exten: <val ue>
ExtraExten: <val ue>
Context: <val ue>
ExtraContext: <val ue>
Priority: <val ue>
ExtraPriority: <value>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.

® Channel - Channel to redirect.

® ExtraChannel - Second call leg to transfer (optional).

® Ext en - Extension to transfer to.

® ExtraExt en - Extension to transfer extrachannel to (optional).

® Cont ext - Context to transfer to.

® ExtraContext - Context to transfer extrachannel to (optional).
® Priority - Priority to transfer to.

® ExtraPriority - Priority to transfer extrachannel to (optional).

See Also
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Asterisk 14 ManagerAction_Reload
Reload

Synopsis

Send a reload event.

Description

Send a reload event.

Syntax

Action: Rel oad
Actionl D <val ue>
Mbdul e: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Mbdul e - Name of the module to reload.

See Also
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Asterisk 14 ManagerAction_SendText
SendText

Synopsis

Send text message to channel.

Description

Sends A Text Message to a channel while in a call.

Syntax

Action: SendText
Actionl D <val ue>
Channel : <val ue>
Message: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - Channel to send message to.
® Message - Message to send.

See Also
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Asterisk 14 ManagerAction_Setvar
Setvar

Synopsis

Sets a channel variable or function value.

Description

This command can be used to set the value of channel variables or dialplan functions.

Note
If a channel name is not provided then the variable is considered global.

Syntax

Action: Setvar
Actionl D <val ue>
Channel : <val ue>
Vari abl e: <val ue>
Val ue: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Channel - Channel to set variable for.

® Vari abl e - Variable name, function or expression.

® Val ue - Variable or function value.

See Also
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Asterisk 14 ManagerAction_ShowDialPlan
ShowDialPlan

Synopsis

Show dialplan contexts and extensions

Description

Show dialplan contexts and extensions. Be aware that showing the full dialplan may take a lot of capacity.

Syntax

Action: ShowDi al Pl an
Actionl D <val ue>
Ext ensi on: <val ue>
Cont ext: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Ext ensi on - Show a specific extension.
® Cont ext - Show a specific context.

See Also
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Asterisk 14 ManagerAction_SIPnotify
SIPnotify

Synopsis
Send a SIP notify.

Description

Sends a SIP Notify event.

All parameters for this event must be specified in the body of this request via multiple Var i abl e: nane=val ue sequences.

Syntax

Action: SlPnotify
Actionl D <val ue>
Channel : <val ue>

Vari abl e: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - Peer to receive the notify.
® Vari abl e - At least one variable pair must be specified. name=value

See Also
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Asterisk 14 ManagerAction_SIPpeers
SIPpeers

Synopsis

List SIP peers (text format).

Description

Lists SIP peers in text format with details on current status. Peer | i st will follow as separate events, followed by a final event called Peer | i st Conpl et e.

Syntax

Action: Sl Ppeers
Actionl D <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_SIPpeerstatus
SIPpeerstatus

Synopsis

Show the status of one or all of the sip peers.

Description

Retrieves the status of one or all of the sip peers. If no peer name is specified, status for all of the sip peers will be retrieved.

Syntax

Action: Sl Ppeerstatus
Actionl D <val ue>
[Peer:] <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Peer - The peer name you want to check.

See Also
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Asterisk 14 ManagerAction_SIPqualifypeer
SIPqualifypeer

Synopsis

Qualify SIP peers.

Description

Qualify a SIP peer.

Syntax

Action: Sl Pqualifypeer
Actionl D <val ue>
Peer: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Peer - The peer name you want to qualify.

See Also

® Asterisk 14 ManagerEvent_SIPQualifyPeerDone
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Asterisk 14 ManagerAction_SIPshowpeer
SIPshowpeer

Synopsis

show SIP peer (text format).

Description

Show one SIP peer with details on current status.

Syntax

Action: Sl Pshowpeer
Actionl D <val ue>
Peer: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Peer - The peer name you want to check.

See Also
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Asterisk 14 ManagerAction_SIPshowregistry
SIPshowregistry

Synopsis

Show SIP registrations (text format).

Description

Lists all registration requests and status. Registrations will follow as separate events followed by a final event called Regi st r at i onsConpl et e.

Syntax

Action: Sl Pshow egistry
Actionl D <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_SKINNYdevices
SKINNYdevices

Synopsis

List SKINNY devices (text format).

Description

Lists Skinny devices in text format with details on current status. Devicelist will follow as separate events, followed by a final event called
DevicelistComplete.

Syntax

Action: SKI NNYdevi ces
Actionl D: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_SKINNYlines
SKINNYlines

Synopsis

List SKINNY lines (text format).

Description

Lists Skinny lines in text format with details on current status. Linelist will follow as separate events, followed by a final event called LinelistComplete.

Syntax

Action: SKINNYlines
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_SKINNYshowdevice
SKINNYshowdevice

Synopsis

Show SKINNY device (text format).

Description

Show one SKINNY device with details on current status.

Syntax

Action: SKI NNYshowdevi ce
Actionl D <val ue>
Devi ce: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Devi ce - The device name you want to check.

See Also
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Asterisk 14 ManagerAction_SKINNYshowline
SKINNYshowline

Synopsis

Show SKINNY line (text format).

Description

Show one SKINNY line with details on current status.

Syntax

Action: SKINNYshow i ne
Actionl D <val ue>
Li ne: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Li ne - The line name you want to check.

See Also
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Asterisk 14 ManagerAction_SorceryMemoryCacheExpire
SorceryMemoryCacheExpire

Synopsis

Expire (remove) ALL objects from a sorcery memory cache.

Description

Expires (removes) ALL objects from a sorcery memory cache.

Syntax

Action: SorceryMenoryCacheExpire
Actionl D <val ue>
Cache: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Cache - The name of the cache to expire all objects from.

See Also
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Asterisk 14 ManagerAction_SorceryMemoryCacheExpireObject
SorceryMemoryCacheExpireObject

Synopsis

Expire (remove) an object from a sorcery memory cache.

Description

Expires (removes) an object from a sorcery memory cache.

Syntax

Action: SorceryMenoryCacheExpi reChj ect
Actionl D <val ue>

Cache: <val ue>

Obj ect: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Cache - The name of the cache to expire the object from.
® (bj ect - The name of the object to expire.

See Also
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Asterisk 14 ManagerAction_SorceryMemoryCachePopulate
SorceryMemoryCachePopulate

Synopsis

Expire all objects from a memory cache and populate it with all objects from the backend.

Description

Expires all objects from a memory cache and populate it with all objects from the backend.

Syntax

Action: SorceryMenoryCachePopul at e
Actionl D <val ue>
Cache: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Cache - The name of the cache to populate.

See Also
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Asterisk 14 ManagerAction_SorceryMemoryCacheStale
SorceryMemoryCacheStale

Synopsis

Marks ALL objects in a sorcery memory cache as stale.

Description

Marks ALL objects in a sorcery memory cache as stale.

Syntax

Action: SorceryMenoryCacheStal e
Actionl D <val ue>
Cache: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Cache - The name of the cache to mark all object as stale in.

See Also
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Asterisk 14 ManagerAction_SorceryMemoryCacheStaleObject
SorceryMemoryCacheStaleObject

Synopsis

Mark an object in a sorcery memory cache as stale.

Description

Marks an object as stale within a sorcery memory cache.

Syntax

Action: SorceryMenoryCacheSt al eCbj ect
Actionl D <val ue>

Cache: <val ue>

Obj ect: <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Cache - The name of the cache to mark the object as stale in.
® (bj ect - The name of the object to mark as stale.

See Also
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Asterisk 14 ManagerAction_Status
Status

Synopsis

List channel status.

Description

Will return the status information of each channel along with the value for the specified channel variables.

Syntax

Action: Status
Actionl D <val ue>

[ Channel :] <val ue>
Vari abl es: <val ue>
Al Vari abl es: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.

® Channel - The name of the channel to query for status.

® Variabl es - Comma, separated list of variable to include.

® Al Vari abl es - If set to "true", the Status event will include all channel variables for the requested channel(s).
® true
® fal se

See Also
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Asterisk 14 ManagerAction_StopMixMonitor
StopMixMonitor

Synopsis

Stop recording a call through MixMonitor, and free the recording's file handle.

Description

This action stops the audio recording that was started with the M xMoni t or action on the current channel.

Syntax

Action: StopM xMonitor
Actionl D <val ue>
Channel : <val ue>
[MxMonitorl D] <val ue>

Arguments

® Acti onl D- ActionID for this transaction. Will be returned.
® Channel - The name of the channel monitored.
® M xMnitorlD-Ifavalid ID is provided, then this command will stop only that specific MixMonitor.

See Also
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Asterisk 14 ManagerAction_StopMonitor
StopMonitor

Synopsis

Stop monitoring a channel.

Description

This action may be used to end a previously started 'Monitor' action.

Syntax

Action: StopMonitor
Actionl D <val ue>
Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Channel - The name of the channel monitored.

See Also
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Asterisk 14 ManagerAction_UnpauseMonitor
UnpauseMonitor

Synopsis

Unpause monitoring of a channel.

Description

This action may be used to re-enable recording of a channel after calling PauseMonitor.

Syntax

Action: UnpauseMbnitor
Actionl D <val ue>
Channel : <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.
® Channel - Used to specify the channel to record.

See Also
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Asterisk 14 ManagerAction_UpdateConfig
UpdateConfig

Synopsis

Update basic configuration.

Description

This action will modify, create, or delete configuration elements in Asterisk configuration files.

Syntax

Action: UpdateConfig
Actionl D <val ue>

SrcFi | enane: <val ue>
Dst Fi | enanme: <val ue>
Rel oad: <val ue>
PreserveEf f ecti veCont ext: <val ue>
Acti on-000000: <val ue>
Cat - 000000: <val ue>
Var - 000000: <val ue>

Val ue- 000000: <val ue>
Mat ch- 000000: <val ue>

Li ne- 000000: <val ue>
Opt i ons-000000: <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Sr cFi | ename - Configuration filename to read (e.g. f 0o. conf).
Dst Fi | enane - Configuration filename to write (e.g. f 00. conf)
Rel oad - Whether or not a reload should take place (or name of specific module).
Preser veEf f ecti veCont ext - Whether the effective category contents should be preserved on template change. Default is true (pre
13.2 behavior).
® Action-000000 - Action to take.
0's represent 6 digit number beginning with 000000.
® NewCat
RenameCat
Del Cat
Enpt yCat
Updat e
Del ete
Append
® Insert
® Cat - 000000 - Category to operate on.
0's represent 6 digit number beginning with 000000.
® Var - 000000 - Variable to work on.
0's represent 6 digit number beginning with 000000.
® Val ue- 000000 - Value to work on.
0's represent 6 digit number beginning with 000000.
® Mat ch- 000000 - Extra match required to match line.
0's represent 6 digit number beginning with 000000.
® Li ne-000000 - Line in category to operate on (used with delete and insert actions).
0's represent 6 digit number beginning with 000000.
® (Options-000000 - A comma separated list of action-specific options.
® NewCat - One or more of the following...
® al | ondups - Allow duplicate category names.
® tenpl at e - This category is a template.
® inherit="tenplate,..." - Templates from which to inherit.

The following actions share the same options...

. RenameCat

Del Cat
Enpt yCat
Updat e
Del ete

Append
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® Insert -
® catfilter="<expression> ..." -

A comma separated list of name_regex=value_regex expressions which will cause only categories whose variables
match all expressions to be considered. The special variable name TEMPLATES can be used to control whether
templates are included. Passing i ncl ude as the value will include templates along with normal categories. Passing r es
trict as the value will restrict the operation to ONLY templates. Not specifying a TEMPLATES expression results in the
default behavior which is to not include templates.
catfilter is most useful when a file contains multiple categories with the same name and you wish to operate on specific
ones instead of all of them.
0's represent 6 digit number beginning with 000000.

See Also
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Asterisk 14 ManagerAction_UserEvent
UserEvent

Synopsis

Send an arbitrary event.

Description

Send an event to manager sessions.

Syntax

Action: UserEvent
Actionl D <val ue>
User Event: <val ue>
Header 1: <val ue>
Header N: <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
User Event - Event string to send.

Header 1 - Contentl.

Header N - ContentN.

See Also
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Asterisk 14 ManagerAction_VoicemailRefresh
VoicemailRefresh

Synopsis

Tell Asterisk to poll mailboxes for a change

Description

Normally, MWI indicators are only sent when Asterisk itself changes a mailbox. With external programs that modify the content of a mailbox from outside
the application, an option exists called pol | mai | boxes that will cause voicemail to continually scan all mailboxes on a system for changes. This can
cause a large amount of load on a system. This command allows external applications to signal when a particular mailbox has changed, thus permitting
external applications to modify mailboxes and MWI to work without introducing considerable CPU load.

If Context is not specified, all mailboxes on the system will be polled for changes. If Context is specified, but Mailbox is omitted, then all mailboxes within C
ontext will be polled. Otherwise, only a single mailbox will be polled for changes.

Syntax

Action: Voicenail Refresh
Actionl D <val ue>
Context: <val ue>

Mai | box: <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

® Cont ext
® Mil box
See Also
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Asterisk 14 ManagerAction_VoicemailUsersList
VoicemailUsersList

Synopsis
List All Voicemail User Information.
Description

Syntax

Action: Voicemail UsersLi st
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

See Also
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Asterisk 14 ManagerAction_WaitEvent
WaitEvent

Synopsis

Wait for an event to occur.

Description

This action will ellicit a Success response. Whenever a manager event is queued. Once WaitEvent has been called on an HTTP manager session, events
will be generated and queued.

Syntax

Action: WitEvent
Actionl D: <val ue>
Ti meout: <val ue>

Arguments

® Actionl D- ActionlD for this transaction. Will be returned.
* Ti meout - Maximum time (in seconds) to wait for events, - 1 means forever.

See Also
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Asterisk 14 ManagerEvent_AgentCalled
AgentCalled

Synopsis
Raised when an queue member is notified of a caller in the queue.
Description

Syntax

Event: AgentCal |l ed

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>

Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>

Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>

Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down

Rsrvd
O f Hook
Di ali ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Channel
Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
Dest Channel St at eDesc

¢ Down

® Rsrvd
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Of f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum

Dest Connect edLi neNane

Dest Account Code

Dest Cont ext

Dest Ext en

DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Menmber Name - The name of the queue member.
I nt er f ace - The queue member's channel technology or location.

Class

AGENT

See Also
® Asterisk 14 ManagerEvent_AgentRingNoAnswer

® Asterisk 14 ManagerEvent_AgentComplete
® Asterisk 14 ManagerEvent_AgentConnect

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AgentComplete
AgentComplete

Synopsis
Raised when a queue member has finished servicing a caller in the queue.
Description

Syntax

Event: Agent Conpl ete
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>
Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>
Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>

Hol dTi me: <val ue>

Tal kTi me: <val ue>

Reason: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNane
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Channel
Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
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® Dest Channel St at eDesc

Class

AGENT

See Also

® Asterisk 14 ManagerEvent_AgentCalled
® Asterisk 14 ManagerEvent_AgentConnect

Down
Rsrvd
Of f Hook
Di al i ng
Ri ng

Ri ngi ng
Up

Busy

Di al i ng O f hook
Pre-ring
Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum
Dest Connect edLi neNane
Dest Account Code

Dest Cont ext

Dest Ext en
DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Queue - The name of the queue.

Menber Nane - The name of the queue member.

I nt er f ace - The queue member's channel technology or location.

Hol dTi ne - The time the channel was in the queue, expressed in seconds since 00:00, Jan 1, 1970 UTC.

Tal kTi me - The time the queue member talked with the caller in the queue, expressed in seconds since 00:00, Jan 1, 1970 UTC.
Reason

caller
agent
transfer

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AgentConnect
AgentConnect

Synopsis
Raised when a queue member answers and is bridged to a caller in the queue.
Description

Syntax

Event: Agent Connect

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>
Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>
Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>

Ri ngTi ne: <val ue>

Hol dTi ne: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di ali ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Channel
Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
Dest Channel St at eDesc
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Down

Rsrvd

Of f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum

Dest Connect edLi neNane

Dest Account Code

Dest Cont ext

Dest Ext en

DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Menmber Name - The name of the queue member.

I nt er f ace - The queue member's channel technology or location.
Ri ngTi ne - The time the queue member was rung, expressed in seconds since 00:00, Jan 1, 1970 UTC.

Class

AGENT

See Also
® Asterisk 14 ManagerEvent_AgentCalled

® Asterisk 14 ManagerEvent_AgentComplete
® Asterisk 14 ManagerEvent_AgentDump

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_AgentDump
AgentDump

Synopsis
Raised when a queue member hangs up on a caller in the queue.
Description

Syntax

Event: Agent Dunp

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>

Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>

Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>

Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down

Rsrvd
O f Hook
Di ali ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Channel
Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
Dest Channel St at eDesc

¢ Down

® Rsrvd
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Of f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum

Dest Connect edLi neNane

Dest Account Code

Dest Cont ext

Dest Ext en

DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Menmber Name - The name of the queue member.
I nt er f ace - The queue member's channel technology or location.

Class

AGENT

See Also

® Asterisk 14 ManagerEvent_AgentCalled
® Asterisk 14 ManagerEvent_AgentConnect

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AgentLogin
AgentLogin

Synopsis
Raised when an Agent has logged in.
Description

Syntax

Event: AgentLogin

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Agent: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Agent - Agent ID of the agent.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

AGENT

See Also

® Asterisk 14 Application_AgentLogin
® Asterisk 14 ManagerEvent_AgentLogoff

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AgentLogoff
AgentLogoff

Synopsis
Raised when an Agent has logged off.
Description

Syntax

Event: Agent Logof f
Agent: <val ue>
Logi ntime: <val ue>

Arguments

® Agent - Agent ID of the agent.
® Logi nti me - The number of seconds the agent was logged in.

Class

AGENT

See Also

® Asterisk 14 ManagerEvent_AgentLogin

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AgentRingNoAnswer
AgentRingNoAnswer

Synopsis
Raised when a queue member is notified of a caller in the queue and fails to answer.
Description

Syntax

Event: Agent Ri ngNoAnswer
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>
Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>
Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>

Ri ngTi ne: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down

Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er| DNum
Cal | er | DNane
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Channel
Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
Dest Channel St at eDesc

¢ Down
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Rsrvd

Of f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum

Dest Connect edLi neNane

Dest Account Code

Dest Cont ext

Dest Ext en

DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Menmber Name - The name of the queue member.

I nt er f ace - The queue member's channel technology or location.
Ri ngTi ne - The time the queue member was rung, expressed in seconds since 00:00, Jan 1, 1970 UTC.

Class

AGENT

See Also

® Asterisk 14 ManagerEvent_AgentCalled

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_Agents
Agents

Synopsis

Response event in a series to the Agents AMI action containing information about a defined agent.

Description

The channel snapshot is present if the Status value is AGENT_| DLE or AGENT_ONCALL.

Syntax

Event: Agents

Agent: <val ue>

Name: <val ue>

Status: <val ue>

Tal ki ngToChan: <val ue>
Cal | Started: <val ue>
Logged! nTi me: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal l erl DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Actionl D: <val ue>

Arguments

® Agent - Agent ID of the agent.
® Nane - User friendly name of the agent.
® St at us - Current status of the agent.
The valid values are:
® AGENT_LOGGEDOFF
® AGENT_| DLE
¢ AGENT_ONCALL
® Tal ki ngToChan - BRIDGEPEER value on agent channel.
Present if Status value is AGENT_ONCALL.
® Call Started - Epoche time when the agent started talking with the caller.
Present if Status value is AGENT_ONCALL.
® Logged! nTi ne - Epoche time when the agent logged in.
Present if Status value is AGENT_| DLE or AGENT_ONCALL.
® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DName
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
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Priority

Uni quei d

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Act i onl D- ActionID for this transaction. Will be returned.

Class

AGENT

See Also

® Asterisk 14 ManagerAction_Agents

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AgentsComplete
AgentsComplete

Synopsis
Final response event in a series of events to the Agents AMI action.
Description

Syntax

Event: AgentsConplete
Actionl D <val ue>

Arguments

® Actionl D- ActionID for this transaction. Will be returned.

Class

AGENT

See Also

® Asterisk 14 ManagerAction_Agents

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AGIExecEnd
AGIExecEnd

Synopsis
Raised when a received AGI command completes processing.
Description

Syntax

Event: AG ExecEnd

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Command: <val ue>

Commandl d: <val ue>

Resul t Code: <val ue>

Resul t: <val ue>

Arguments

¢ Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Conmand - The AGI command as received from the external source.

Conmandl d - Random identification number assigned to the execution of this command.
Resul t Code - The numeric result code from AGI

Resul t - The text result reason from AGI

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]
°
L]

Class

AGI
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AGIExecStart
AGIExecStart

Synopsis
Raised when a received AGI command starts processing.
Description

Syntax

Event: AGQ ExecStart
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Command: <val ue>

Commandl d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Comrand - The AGI command as received from the external source.
Conmandl d - Random identification number assigned to the execution of this command.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]

Class

AGI
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

241



Asterisk 14 ManagerEvent_Alarm
Alarm

Synopsis
Raised when an alarm is set on a DAHDI channel.
Description

Syntax

Event: Alarm
DAHDI Channel : <val ue>
Alarm <val ue>

Arguments

® DAHDI Channel - The channel on which the alarm occurred.

Note
This is not an Asterisk channel identifier.

® Al ar m- A textual description of the alarm that occurred.

Class

SYSTEM

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AlarmClear
AlarmClear

Synopsis
Raised when an alarm is cleared on a DAHDI channel.
Description

Syntax

Event: Al arnCl ear
DAHDI Channel : <val ue>

Arguments

® DAHDI Channel - The DAHDI channel on which the alarm was cleared.

Note
This is not an Asterisk channel identifier.

Class

SYSTEM

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AOC-D
AOC-D

Synopsis
Raised when an Advice of Charge message is sent during a call.
Description

Syntax

Event: ACC-D

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Charge: <val ue>

Type: <val ue>

BillinglD <val ue>

Tot al Type: <val ue>
Currency: <val ue>

Name: <val ue>

Cost: <val ue>

Ml tiplier: <val ue>
Units: <val ue>

Nunber Of :  <val ue>

TypeOf: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* W
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call er!l DNum
® Cal | er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Charge
®* Type
® Not Avai | abl e
® Free
® Currency
® Units
® BillinglD
® Nor nal
® Reverse
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CreditCard
Cal | For war di ngUncondi ti onal
Cal | For war di ngBusy
Cal | For war di ngNoRepl y
Cal | Def | ection
Cal | Transfer
Not Avai | abl e
® Total Type
® SubTot al
® Total
Currency
Nane
Cost
Ml tiplier
1/ 1000
1/ 100
1/ 10
1
10
100
1000

® Units
® Nunber O
® TypeO™t
Class
AOC

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AOC-E
AOC-E

Synopsis
Raised when an Advice of Charge message is sent at the end of a call.
Description

Syntax

Event: ACC-E

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Char gi ngAssoci ation: <val ue>
Nunber: <val ue>

Pl an: <val ue>

I D <val ue>

Charge: <val ue>

Type: <val ue>

BillinglD <val ue>

Tot al Type: <val ue>
Currency: <val ue>

Name: <val ue>

Cost: <val ue>

Ml tiplier: <val ue>
Units: <val ue>

Nunber Of :  <val ue>

TypeOf: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
® Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er| DNum
Cal | er | DNane
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Char gi ngAssoci ati on
Nunber
Pl an
I D
Char ge
Type
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® Not Avai | abl e

® Free

® Currency

® Units
® BillinglD
Nor nal
Rever se
CreditCard
Cal | For war di ngUncondi ti onal
Cal | For war di ngBusy
Cal | For war di ngNoRepl y
Cal | Defl ection
Cal | Tr ansfer
Not Avai | abl e
®* Total Type

® SubTot al
® Total

Currency
Nanme
Cost
Mul tiplier
1/ 1000
1/ 100
1/ 10
1
10
100
1000

® Units

® Nunber O

® TypeO™t
Class

AOC

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AOC-S
AOC-S

Synopsis
Raised when an Advice of Charge message is sent at the beginning of a call.
Description

Syntax

Event: ACC-S

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Char geabl e: <val ue>

Rat eType: <val ue>
Currency: <val ue>

Name: <val ue>

Cost: <val ue>

Ml tiplier: <val ue>
Char gi ngType: <val ue>

St epFunction: <val ue>
Granul arity: <val ue>
Lengt h: <val ue>

Scal e: <val ue>

Unit: <val ue>

Speci al Code: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* W
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call erl DNum
® Cal | er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Chargeabl e
®* RateType
® Not Avai | abl e
® Free
® FreeFronBegi nni ng
® Duration
® Flag
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® Vol unme
® Speci al Code
Currency
Nanme
Cost
Ml tiplier
1/ 1000
1/ 100
1/ 10
1
10
100
1000
Char gi ngType
St epFuncti on
Granularity
Lengt h
Scal e
Uni t
® Cctect
® Segnent
® Message
® Speci al Code

Class

AOC
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AorDetail
AorDetail

Synopsis
Provide details about an Address of Record (AoR) section.
Description

Syntax

Event: AorDetail

bj ect Type: <val ue>

Obj ect Nanme: <val ue>

M ni munExpi rati on: <val ue>
Maxi munExpi ration: <val ue>
Def aul t Expi rati on: <val ue>
Qual i f yFrequency: <val ue>
Aut henti cateQual i fy: <val ue>
MaxCont acts: <val ue>
RenpoveExi sting: <val ue>
Mai | boxes: <val ue>

Qut boundPr oxy: <val ue>
Support Pat h: <val ue>

Tot al Contacts: <val ue>

Cont act sRegi st ered: <val ue>
Endpoi nt Nanme: <val ue>

Arguments

Obj ect Type - The object's type. This will always be 'aor'.
Obj ect Nane - The name of this object.

M ni nunExpi r ati on - Minimum keep alive time for an AoR
Maxi munExpi r at i on - Maximum time to keep an AoR

Qual i f yFrequency - Interval at which to qualify an AoR

Aut hent i cat eQual i fy - Authenticates a qualify request if needed

MaxCont act s - Maximum number of contacts that can bind to an AoR

RenoveExi st i ng - Determines whether new contacts replace existing ones.

Mai | boxes - Allow subscriptions for the specified mailbox(es)

Qut boundPr oxy - Outbound proxy used when sending OPTIONS request

Suppor t Pat h - Enables Path support for REGISTER requests and Route support for other requests.
Tot al Cont act s - The total number of contacts associated with this AoR.

Cont act sRegi st er ed - The number of non-permanent contacts associated with this AoR.

Endpoi nt Nane - The name of the endpoint associated with this information.

Class

COMMAND

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Def aul t Expi r ati on - Default expiration time in seconds for contacts that are dynamically bound to an AoR.
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Asterisk 14 ManagerEvent_AsyncAGIEnd
AsyncAGIEnd

Synopsis
Raised when a channel stops AsyncAGI command processing.
Description

Syntax

Event: AsyncAd End
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

AGI
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AsyncAGIExec
AsyncAGIExec

Synopsis
Raised when AsyncAGI completes an AGI command.
Description

Syntax

Event: AsyncAG Exec
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

[ Commandl D:] <val ue>
Resul t: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Comrand| D - Optional command ID sent by the AsyncAGI server to identify the command.
Resul t - URL encoded result string from the executed AGI command.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]

Class

AGI
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AsyncAGIStart
AsyncAGlIStart

Synopsis
Raised when a channel starts AsyncAGI command processing.
Description

Syntax

Event: AsyncAd Start
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Env: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Env - URL encoded string read from the AsyncAGI server.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

AGI
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AttendedTransfer
AttendedTransfer

Synopsis

Raised when an attended transfer is complete.

Description

The headers in this event attempt to describe all the major details of the attended transfer. The two transferer channels and the two bridges are determined
based on their chronological establishment. So consider that Alice calls Bob, and then Alice transfers the call to Voicemail. The transferer and bridge
headers would be arranged as follows:

OrigTransfererChannel: Alice's channel in the bridge with Bob.
OrigBridgeUniqueid: The bridge between Alice and Bob.
SecondTransfererChannel: Alice's channel that called Voicemail.
SecondBridgeUniqueid: Not present, since a call to Voicemail has no bridge.

Now consider if the order were reversed; instead of having Alice call Bob and transfer him to Voicemail, Alice instead calls her Voicemail and transfers that
to Bob. The transferer and bridge headers would be arranged as follows:

OrigTransfererChannel: Alice's channel that called Voicemail.
OrigBridgeUniqueid: Not present, since a call to Voicemail has no bridge.
SecondTransfererChannel: Alice's channel in the bridge with Bob.

SecondBridgeUniqueid: The bridge between Alice and Bob.

Syntax
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Event: AttendedTransfer

Resul t: <val ue>

Ori gTransf er er Channel :  <val ue>
OigTransfererChannel State: <val ue>
Ori gTransf er er Channel St at eDesc: <val ue>
OigTransfererCal |l erl DNum <val ue>
OigTransfererCal | erl DNane: <val ue>
Oi gTransf erer Connect edLi neNum <val ue>
Ori gTransf er er Connect edLi neName: <val ue>
O i gTransf erer Account Code: <val ue>
OrigTransfererContext: <val ue>
OigTransfererExten: <val ue>
OigTransfererPriority: <val ue>

O i gTransfererUni queid: <val ue>

Ori gTransfererLinkedi d: <val ue>

O i gBridgeUni quei d: <val ue>
OrigBridgeType: <val ue>

Oi gBridgeTechnol ogy: <val ue>
OrigBridgeCreator: <val ue>
OrigBridgeNane: <val ue>

Ori gBri dgeNunChannel s: <val ue>
SecondTr ansf er er Channel : <val ue>
SecondTr ansf er er Channel State: <val ue>
SecondTr ansf er er Channel St at eDesc: <val ue>
SecondTransfererCal | erl DNum <val ue>
SecondTr ansf erer Cal | er| DNanme: <val ue>
SecondTr ansf er er Connect edLi neNum <val ue>
SecondTr ansf er er Connect edLi neNane: <val ue>
SecondTr ansf er er Account Code: <val ue>
SecondTr ansf er er Cont ext: <val ue>
SecondTr ansf erer Exten: <val ue>
SecondTransfererPriority: <value>
SecondTr ansf er er Uni quei d: <val ue>
SecondTr ansf er er Li nkedi d: <val ue>
SecondBri dgeUni quei d: <val ue>
SecondBri dgeType: <val ue>

SecondBri dgeTechnol ogy: <val ue>
SecondBri dgeCreat or: <val ue>
SecondBri dgeNane: <val ue>

SecondBri dgeNunChannel s: <val ue>
Dest Type: <val ue>

Dest Bri dgeUni quei d: <val ue>

Dest App: <val ue>

Local OneChannel : <val ue>

Local OneChannel State: <val ue>

Local OneChannel St at eDesc: <val ue>
Local OneCal | er | DNum <val ue>

Local OneCal | er | DNanme: <val ue>

Local OneConnect edLi neNum <val ue>
Local OneConnect edLi neNanme: <val ue>
Local OneAccount Code: <val ue>

Local OneCont ext: <val ue>

Local OneExt en: <val ue>

Local OnePriority: <val ue>

Local OneUni quei d: <val ue>

Local OneLi nkedi d: <val ue>

Local TwoChannel : <val ue>

Local TwoChannel St ate: <val ue>

Local TwoChannel St at eDesc: <val ue>
Local TwoCal | er | DNum <val ue>

Local TwoCal | er | DNane: <val ue>

Local TwoConnect edLi neNum <val ue>
Local TwoConnect edLi neNane: <val ue>
Local TwoAccount Code: <val ue>

Local TwoCont ext : <val ue>

Local TwoExt en: <val ue>

Local TwoPriority: <val ue>

Local TwoUni quei d: <val ue>

Local TwoLi nkedi d: <val ue>

Dest Tr ansf er er Channel : <val ue>

Transf ereeChannel : <val ue>

Transf ereeChannel State: <val ue>

Transf er eeChannel St at eDesc: <val ue>
TransfereeCal | erl DNum <val ue>
TransfereeCal | er| DNanme: <val ue>
Transf er eeConnect edLi neNum <val ue>
Tr ansf er eeConnect edLi neName: <val ue>
Transf er eeAccount Code: <val ue>
TransfereeContext: <val ue>

Transf ereeExten: <val ue>
TransfereePriority: <val ue>

Transf er eeUni quei d: <val ue>

Tr ansf er eeLi nkedi d: <val ue>

Arguments
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® Resul t - Indicates if the transfer was successful or if it failed.

Fai | - Aninternal error occurred.

I nval i d - Invalid configuration for transfer (e.g. Not bridged)
Not Permi tted - Bridge does not permit transfers
Success - Transfer completed successfully

Note
A result of Success does not necessarily mean that a target was succesfully contacted. It means that a party was succesfully
placed into the dialplan at the expected location.

® OigTransfererChannel
® OigTransfererChannel St at e - A numeric code for the channel's current state, related to OrigTransfererChannelStateDesc
® OigTransfererChannel St at eDesc
¢ Down

Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
OigTransfererCall erl DNum
OrigTransfererCall erl DNane
Ori gTr ansf er er Connect edLi neNum
Ori gTr ansf er er Connect edLi neNane
Ori gTransf er er Account Code
Ori gTr ansf er er Cont ext
Ori gTransfererExten
OigTransfererPriority
Ori gTransferer Uni quei d
Ori gTransf er er Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Ori gBri dgeUni quei d
Ori gBri dgeType - The type of bridge
Ori gBri dgeTechnol ogy - Technology in use by the bridge
OrigBri dgeCreat or - Entity that created the bridge if applicable
Ori gBri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Ori gBri dgeNuntChannel s - Number of channels in the bridge
SecondTr ansf er er Channel
SecondTr ansf er er Channel St at e - A numeric code for the channel's current state, related to SecondTransfererChannelStateDesc
SecondTr ansf er er Channel St at eDesc

¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
SecondTr ansfererCal | erl DNum
SecondTr ansf erer Cal | er | DNane
SecondTr ansf er er Connect edLi neNum
SecondTr ansf er er Connect edLi neNane
SecondTr ansf er er Account Code
SecondTr ansf er er Cont ext
SecondTr ansf er er Ext en
SecondTransfererPriority
SecondTr ansf er er Uni quei d
SecondTr ansf er er Li nkedi d - Uniqueid of the oldest channel associated with this channel.
SecondBri dgeUni quei d
SecondBri dgeType - The type of bridge
SecondBr i dgeTechnol ogy - Technology in use by the bridge
SecondBri dgeCr eat or - Entity that created the bridge if applicable
SecondBri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
SecondBri dgeNuntChannel s - Number of channels in the bridge
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® Dest Type - Indicates the method by which the attended transfer completed.
® Bridge - The transfer was accomplished by merging two bridges into one.
® App - The transfer was accomplished by having a channel or bridge run a dialplan application.
® Li nk - The transfer was accomplished by linking two bridges together using a local channel pair.
®* Thr eeway - The transfer was accomplished by placing all parties into a threeway call.
® Fail - The transfer failed.
® Dest Bri dgeUni quei d - Indicates the surviving bridge when bridges were merged to complete the transfer

Note
This header is only present when DestType is Bri dge or Thr eeway

® Dest App - Indicates the application that is running when the transfer completes

Note
This header is only present when DestType is App

® Local OneChannel

® Local OneChannel St at e - A numeric code for the channel's current state, related to LocalOneChannelStateDesc
® |ocal OneChannel St at eDesc

Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Local OneCal | er | DNum

Local OneCal | er | DNarre

Local OneConnect edLi neNum

Local OneConnect edLi neNanme

Local OneAccount Code

Local OneCont ext

Local OneExt en

Local OnePriority

Local OneUni quei d

Local OnelLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Local TwoChannel

Local TwoChannel St at e - A numeric code for the channel's current state, related to LocalTwoChannelStateDesc
Local TwoChannel St at eDesc

Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Local TwoCal | er | DNum

Local TwoCal | er | DNarre

Local TwoConnect edLi neNum

Local TwoConnect edLi neNanme

Local TwoAccount Code

Local TwoCont ext

Local TwoExt en

Local TwoPriority

Local TwoUni quei d

Local TwoLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Tr ansf er er Channel - The name of the surviving transferer channel when a transfer results in a threeway call

Note
This header is only present when DestType is Thr eeway

® Tr ansf er eeChannel
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®* Transf er eeChannel St at e - A numeric code for the channel's current state, related to TransfereeChannelStateDesc

Class

CALL

Tr ansf er eeChannel St at eDesc
® Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

TransfereeCal | er | DNum

Tr ansf ereeCal | er | DNane

Tr ansf er eeConnect edLi neNum

Tr ansf er eeConnect edLi neNane

Tr ansf er eeAccount Code

Tr ansf er eeCont ext

Tr ansf er eeExt en

TransfereePriority

Tr ansf er eeUni quei d

Tr ansf er eeLi nkedi d - Uniqueid of the oldest channel associated with this channel.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AuthDetail
AuthDetail

Synopsis
Provide details about an authentication section.
Description

Syntax

Event: AuthDetail

bj ect Type: <val ue>
Obj ect Nanme: <val ue>
User nane: <val ue>
Password: <val ue>
MI5Cr ed: <val ue>

Real m <val ue>

NoncelLi fetine: <val ue>
Aut hType: <val ue>
Endpoi nt Name: <val ue>

Arguments

® (bj ect Type - The object's type. This will always be "auth'.

® (bj ect Nane - The name of this object.

® User nane - Username to use for account

® Passwor d - Username to use for account

® MI5Cr ed - MD5 Hash used for authentication.

® Real m- SIP realm for endpoint

®* Nonceli f eti me - Lifetime of a nonce associated with this authentication config.
® Aut hType - Authentication type

® Endpoi nt Nane - The name of the endpoint associated with this information.

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_AuthMethodNotAllowed
AuthMethodNotAllowed

Synopsis
Raised when a request used an authentication method not allowed by the service.
Description

Syntax

Event: Aut hMet hodNot Al | owed
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
Aut hMet hod:  <val ue>

[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Aut hMet hod - The authentication method attempted.
Mbdul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Renot eAddr ess - The remote address of the entity that caused the security event to be raised.
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Asterisk 14 ManagerEvent_BlindTransfer
BlindTransfer

Synopsis
Raised when a blind transfer is complete.
Description

Syntax

Event: BlindTransfer

Resul t: <val ue>

Transf erer Channel : <val ue>

Transf erer Channel State: <val ue>

Transf erer Channel St at eDesc: <val ue>
TransfererCal | erl DNum <val ue>
TransfererCal | erl DName: <val ue>
Transf er er Connect edLi neNum <val ue>
Transf er er Connect edLi neName: <val ue>
Transf er er Account Code: <val ue>
TransfererContext: <val ue>
Transferer Exten: <val ue>
TransfererPriority: <val ue>

Transf erer Uni quei d: <val ue>

Transf erer Li nkedi d: <val ue>

Transf ereeChannel : <val ue>

Transf ereeChannel State: <val ue>
Transf er eeChannel St at eDesc: <val ue>
TransfereeCal | erl DNum <val ue>
TransfereeCal | er| DNane: <val ue>

Transf er eeConnect edLi neNum <val ue>
Transf er eeConnect edLi neNane: <val ue>
Tr ansf er eeAccount Code: <val ue>
Transf ereeCont ext: <val ue>
TransfereeExten: <val ue>
TransfereePriority: <value>

Transf er eeUni quei d: <val ue>

Transf er eeLi nkedi d: <val ue>

Bri dgeUni quei d: <val ue>

Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

I sExternal : <val ue>

Context: <val ue>

Ext ensi on: <val ue>

Arguments

® Resul t - Indicates if the transfer was successful or if it failed.
® Fail - Aninternal error occurred.
® | nvalid - Invalid configuration for transfer (e.g. Not bridged)
® Not Permtted - Bridge does not permit transfers
® Success - Transfer completed successfully

Note

A result of Success does not necessarily mean that a target was succesfully contacted. It means that a party was succesfully

placed into the dialplan at the expected location.

® Transf er er Channel
® Transf erer Channel St at e - A numeric code for the channel's current state, related to TransfererChannelStateDesc
®* TransfererChannel St at eDesc

¢ Down

® Rsrvd

® O f Hook

® Dialing

® Ring

® Ringing

* W

® Busy

® Dialing Ofhook
® Pre-ring
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¢ Unknown
TransfererCall er| DNum
TransfererCal | er| DNane
Tr ansf er er Connect edLi neNum
Tr ansf er er Connect edLi neNane
Tr ansf er er Account Code
Tr ansf er er Cont ext
Transf erer Ext en
TransfererPriority
Transf erer Uni quei d
Tr ansf er er Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Tr ansf er eeChannel
Tr ansf er eeChannel St at e - A numeric code for the channel's current state, related to TransfereeChannelStateDesc
Tr ansf er eeChannel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Tr ansf ereeCal | er | DNum
Tr ansf er eeCal | er | DNane
Tr ansf er eeConnect edLi neNum
Tr ansf er eeConnect edLi neNane
Tr ansf er eeAccount Code
Tr ansf er eeCont ext
Tr ansf er eeExt en
TransfereePriority
Tr ansf er eeUni quei d
Tr ansf er eeLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Bri dgeUni quei d
Bri dgeType - The type of bridge
Bri dgeTechnol ogy - Technology in use by the bridge
Bri dgeCr eat or - Entity that created the bridge if applicable
Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge
| sExt er nal - Indicates if the transfer was performed outside of Asterisk. For instance, a channel protocol native transfer is external. A
DTMF transfer is internal.
® Yes
® No
® Cont ext - Destination context for the blind transfer.
® Ext ensi on - Destination extension for the blind transfer.

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_BridgeCreate
BridgeCreate

Synopsis
Raised when a bridge is created.
Description

Syntax

Event: BridgeCreate

Bri dgeUni quei d: <val ue>
BridgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_BridgeDestroy
BridgeDestroy

Synopsis
Raised when a bridge is destroyed.
Description

Syntax

Event: BridgeDestroy

Bri dgeUni quei d: <val ue>
BridgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

264



Asterisk 14 ManagerEvent_BridgeEnter
BridgeEnter

Synopsis
Raised when a channel enters a bridge.
Description

Syntax

Event: BridgeEnter

Bri dgeUni quei d: <val ue>
BridgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>
Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

SwapUni quei d: <val ue>

Arguments

® BridgeUni queid
® Bri dgeType - The type of bridge
® BridgeTechnol ogy - Technology in use by the bridge
® BridgeCreator - Entity that created the bridge if applicable
® Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
® Bri dgeNuntChannel s - Number of channels in the bridge
® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DName
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
SwapUni quei d - The uniqueid of the channel being swapped out of the bridge

Class

CALL
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Asterisk 14 ManagerEvent_BridgelnfoChannel
BridgelnfoChannel

Synopsis
Information about a channel in a bridge.
Description

Syntax

Event: Bridgel nf oChannel
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_BridgelnfoComplete
BridgelInfoComplete

Synopsis
Information about a bridge.
Description

Syntax

Event: Bridgel nf oConpl ete
Bri dgeUni quei d: <val ue>
BridgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments
® BridgeUni queid
® Bri dgeType - The type of bridge
® BridgeTechnol ogy - Technology in use by the bridge
® BridgeCreator - Entity that created the bridge if applicable
® Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
® Bri dgeNuntChannel s - Number of channels in the bridge
Class
COMMAND
See Also

Import Version
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Asterisk 14 ManagerEvent_BridgelLeave
BridgeLeave

Synopsis
Raised when a channel leaves a bridge.
Description

Syntax

Event: BridgeLeave

Bri dgeUni quei d: <val ue>
BridgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® BridgeUni queid

® BridgeType - The type of bridge

® BridgeTechnol ogy - Technology in use by the bridge

® BridgeCreator - Entity that created the bridge if applicable

® Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable

® Bri dgeNuntChannel s - Number of channels in the bridge

® Channel

® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* W
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call er!l DNum
® Cal | er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Linkedi d - Uniqueid of the oldest channel associated with this channel.
Class
CALL
See Also
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Asterisk 14 ManagerEvent_BridgeMerge
BridgeMerge

Synopsis
Raised when two bridges are merged.
Description

Syntax

Event: BridgeMerge

ToBri dgeUni quei d: <val ue>
ToBri dgeType: <val ue>

ToBri dgeTechnol ogy: <val ue>
ToBri dgeCreator: <val ue>
ToBri dgeName: <val ue>

ToBr i dgeNunChannel s: <val ue>
FronBri dgeUni quei d: <val ue>
FronBri dgeType: <val ue>
FronBri dgeTechnol ogy: <val ue>
FronBri dgeCreator: <val ue>
FronBri dgeName: <val ue>
FronBri dgeNunChannel s: <val ue>

Arguments
® ToBri dgeUni quei d
® ToBri dgeType - The type of bridge
® ToBri dgeTechnol ogy - Technology in use by the bridge
® ToBri dgeCreat or - Entity that created the bridge if applicable
® ToBri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
® ToBri dgeNuntChannel s - Number of channels in the bridge
® FronBri dgeUni quei d
® FronBri dgeType - The type of bridge
® FronBri dgeTechnol ogy - Technology in use by the bridge
® FronBri dgeCreat or - Entity that created the bridge if applicable
®* FronBri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
L]

Fr onBri dgeNunmChannel s - Number of channels in the bridge

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_Cdr
Cdr

Synopsis
Raised when a CDR is generated.
Description

The Cdr event is only raised when the cdr _nmanager backend is loaded and registered with the CDR engine.

Note
This event can contain additional fields depending on the configuration provided by cdr _manager . conf .

Syntax

Event: Cdr

Account Code: <val ue>
Source: <val ue>
Destination: <val ue>

Desti nationCont ext: <val ue>
Cal lerl D: <val ue>

Channel : <val ue>

Desti nationChannel : <val ue>
Last Application: <val ue>
Last Data: <val ue>
StartTime: <val ue>

Answer Ti ne: <val ue>

EndTi ne: <val ue>

Duration: <val ue>

Bi | | abl eSeconds: <val ue>

Di sposi tion: <val ue>

AMAFI ags: <val ue>

Uni quel D:  <val ue>

User Fi el d: <val ue>

Arguments

® Account Code - The account code of the Party A channel.
® Sour ce - The Caller ID number associated with the Party A in the CDR.
® Desti nati on - The dialplan extension the Party A was executing.
® Destinati onCont ext - The dialplan context the Party A was executing.
® Cal |l er| D- The Caller ID name associated with the Party A in the CDR.
® Channel - The channel name of the Party A.
® Desti nati onChannel - The channel name of the Party B.
® Last Appli cati on - The last dialplan application the Party A executed.
® Last Dat a - The parameters passed to the last dialplan application the Party A executed.
® StartTi me - The time the CDR was created.
* Answer Ti e - The earliest of either the time when Party A answered, or the start time of this CDR.
® EndTi ne - The time when the CDR was finished. This occurs when the Party A hangs up or when the bridge between Party A and Party
B is broken.
Dur ati on - The time, in seconds, of EndTime - StartTime.
® Bill abl eSeconds - The time, in seconds, of AnswerTime - StartTime.
® Di sposition - The final known disposition of the CDR.

® NO ANSVER - The channel was not answered. This is the default disposition.

® FAI LED- The channel attempted to dial but the call failed.

Note
The congestion setting in cdr . conf can result in the AST_CAUSE_CONGESTI ON hang up cause or the CONGESTI ON dial
status to map to this disposition.

® BUSY - The channel attempted to dial but the remote party was busy.
® ANSWERED - The channel was answered. The hang up cause will no longer impact the disposition of the CDR.
® CONGESTI ON- The channel attempted to dial but the remote party was congested.
®* AMAFI ags - A flag that informs a billing system how to treat the CDR.
® OM T - This CDR should be ignored.
® BI LLI NG- This CDR contains valid billing data.
® DOCUMENTATI ON - This CDR is for documentation purposes.
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® Uni quel D- A unique identifier for the Party A channel.
® User Fi el d - A user defined field set on the channels. If set on both the Party A and Party B channel, the userfields of both are

concatenated and separated by a ; .
Class
CDR
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_CEL
CEL

Synopsis
Raised when a Channel Event Log is generated for a channel.
Description

Syntax

Event: CEL

Event Nane: <val ue>
Account Code: <val ue>
Cal | er| Dnum <val ue>
Cal | er| Dnane: <val ue>
Cal | erl Dani: <val ue>
Cal l erl Drdnis: <val ue>
Cal | erl Ddni d: <val ue>
Exten: <val ue>
Context: <val ue>

Appl i cation: <val ue>
AppDat a: <val ue>
Event Ti ne: <val ue>
AMAFI ags: <val ue>

Uni quel D:  <val ue>

Li nkedl D <val ue>
User Fi el d: <val ue>
Peer: <val ue>

Peer Account : <val ue>
Extra: <val ue>

Arguments

® Event Name - The name of the CEL event being raised. This can include both the system defined CEL events, as well as user defined
events.

@ Note

All events listed here may not be raised, depending on the configuration in cel . conf .

CHAN_START - A channel was created.

CHAN_END - A channel was terminated.

ANSWER - A channel answered.

HANGUP - A channel was hung up.

BRI DGE_ENTER - A channel entered a bridge.

BRI DGE_EXI T - A channel left a bridge.

APP_START - A channel entered into a tracked application.
APP_END - A channel left a tracked application.

PARK_START - A channel was parked.

PARK_END - A channel was unparked.

BLI NDTRANSFER - A channel initiated a blind transfer.
ATTENDEDTRANSFER - A channel initiated an attended transfer.
Pl CKUP - A channel initated a call pickup.

FORWARD - A channel is being forwarded to another destination.
LI NKEDI D_END - The linked ID associated with this channel is being retired.
LOCAL_OPTI M ZE - A Local channel optimization has occurred.
USER_DEFI NED - A user defined type.

Note
This event is only present if show_user _defi ned in cel . conf is Tr ue. Otherwise, the user defined event will be placed
directly in the EventName field.

Account Code - The channel's account code.

Cal | er | Dnum- The Caller ID number.

Cal | er | Dnane - The Caller ID name.

Cal | erl Dani - The Caller ID Automatic Number Identification.

Cal | er | Dr dni s - The Caller ID Redirected Dialed Number Identification Service.
Cal | er1 Ddni d - The Caller ID Dialed Number Identifier.

Ext en - The dialplan extension the channel is currently executing in.
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Class

CEL

Cont ext - The dialplan context the channel is currently executing in.
Appl i cati on - The dialplan application the channel is currently executing.
AppDat a - The arguments passed to the dialplan Application.
Event Ti ne - The time the CEL event occurred.
AMAFI ags - A flag that informs a billing system how to treat the CEL.
® OM T - This event should be ignored.
® Bl LLI NG- This event contains valid billing data.
® DOCUMENTATI ON - This event is for documentation purposes.
Uni quel D- The unique ID of the channel.
Li nkedl D- The linked ID of the channel, which ties this event to other related channel's events.
User Fi el d - A user defined field set on a channel, containing arbitrary application specific data.
Peer - If this channel is in a bridge, the channel that it is in a bridge with.
Peer Account - If this channel is in a bridge, the accountcode of the channel it is in a bridge with.

Ext r a - Some events will have event specific data that accompanies the CEL record. This extra data is JSON encoded, and is

dependent on the event in question.

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ChallengeResponseFailed
ChallengeResponseFailed

Synopsis
Raised when a request's attempt to authenticate has been challenged, and the request failed the authentication challenge.
Description

Syntax

Event: Chal | engeResponseFai | ed
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>

Local Address: <val ue>
Renot eAddr ess: <val ue>
Chal | enge: <val ue>
Response: <val ue>

Expect edResponse: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - A relative severity of the security event.

® Informational

® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.
Renot eAddr ess - The remote address of the entity that caused the security event to be raised.
Chal | enge - The challenge that was sent.
Response - The response that was received.
Expect edResponse - The expected response to the challenge.
Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ChallengeSent
ChallengeSent

Synopsis
Raised when an Asterisk service sends an authentication challenge to a request.
Description

Syntax

Event: Chal | engeSent
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>
Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
Chal | enge: <val ue>

[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Chal | enge - The challenge that was sent.
Mbdul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ChannelTalkingStart
ChannelTalkingStart

Synopsis
Raised when talking is detected on a channel.
Description

Syntax

Event: Channel Tal ki ngSt art
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call erl DNum
® Cal |l er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
¢ Cont ext
® Exten
® Priority
® Uni queid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Class
CLASS
See Also

® Asterisk 14 Function_TALK_DETECT
® Asterisk 14 ManagerEvent_ChannelTalkingStop

Import Version
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Asterisk 14 ManagerEvent_ChannelTalkingStop
ChannelTalkingStop

Synopsis
Raised when talking is no longer detected on a channel.
Description

Syntax

Event: Channel Tal ki ngSt op
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Duration: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dur at i on - The length in time, in milliseconds, that talking was detected on the channel.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

CLASS

See Also

® Asterisk 14 Function_TALK_DETECT
® Asterisk 14 ManagerEvent_ChannelTalkingStart

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

279



Asterisk 14 ManagerEvent_ChanSpyStart
ChanSpyStart

Synopsis
Raised when one channel begins spying on another channel.
Description

Syntax

Event: ChanSpyStart

Spyer Channel : <val ue>

Spyer Channel State: <val ue>
Spyer Channel St at eDesc: <val ue>
Spyer Cal | er | DNum <val ue>
Spyer Cal | er | DNane: <val ue>
Spyer Connect edLi neNum <val ue>
Spyer Connect edLi neNane: <val ue>
Spyer Account Code: <val ue>
Spyer Cont ext: <val ue>
Spyer Ext en: <val ue>
SpyerPriority: <value>

Spyer Uni quei d:  <val ue>

Spyer Li nkedi d: <val ue>
SpyeeChannel : <val ue>
SpyeeChannel St ate: <val ue>
SpyeeChannel St at eDesc: <val ue>
SpyeeCal | er | DNum <val ue>
SpyeeCal | er | DNane: <val ue>
SpyeeConnect edLi neNum <val ue>
SpyeeConnect edLi neNane: <val ue>
SpyeeAccount Code: <val ue>
SpyeeCont ext: <val ue>

SpyeeExt en: <val ue>
SpyeePriority: <val ue>
SpyeeUni quei d: <val ue>

SpyeelLi nkedi d: <val ue>

Arguments

® Spyer Channel
® Spyer Channel St at e - A numeric code for the channel's current state, related to SpyerChannelStateDesc
® Spyer Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Spyer Cal | er | DNum
Spyer Cal | er | DNare
Spyer Connect edLi neNum
Spyer Connect edLi neNane
Spyer Account Code
Spyer Cont ext
Spyer Ext en
SpyerPriority
Spyer Uni quei d
Spyer Li nkedi d - Uniqueid of the oldest channel associated with this channel.
SpyeeChannel
SpyeeChannel St at e - A numeric code for the channel's current state, related to SpyeeChannelStateDesc
SpyeeChannel St at eDesc
¢ Down
® Rsrvd
® O f Hook
® Dialing
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® Ring

® Ringing

* W

® Busy

® Dialing Ofhook
® Pre-ring

® Unknown

SpyeeCal | er | DNum

SpyeeCal | er | DNane

SpyeeConnect edLi neNum

SpyeeConnect edLi neName

SpyeeAccount Code

SpyeeCont ext

SpyeeExt en

SpyeePriority

SpyeeUni quei d

SpyeelLi nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also

® Asterisk 14 Application_ChanSpyStop

Import Version
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Asterisk 14 ManagerEvent_ChanSpyStop
ChanSpyStop

Synopsis
Raised when a channel has stopped spying.
Description

Syntax

Event: ChanSpyStop

Spyer Channel : <val ue>

Spyer Channel State: <val ue>
Spyer Channel St at eDesc: <val ue>
Spyer Cal | er | DNum <val ue>
Spyer Cal | er | DNane: <val ue>
Spyer Connect edLi neNum <val ue>
Spyer Connect edLi neNane: <val ue>
Spyer Account Code: <val ue>
Spyer Cont ext: <val ue>
Spyer Ext en: <val ue>
SpyerPriority: <value>

Spyer Uni quei d:  <val ue>

Spyer Li nkedi d: <val ue>
SpyeeChannel : <val ue>
SpyeeChannel St ate: <val ue>
SpyeeChannel St at eDesc: <val ue>
SpyeeCal | er | DNum <val ue>
SpyeeCal | er | DNane: <val ue>
SpyeeConnect edLi neNum <val ue>
SpyeeConnect edLi neNane: <val ue>
SpyeeAccount Code: <val ue>
SpyeeCont ext: <val ue>

SpyeeExt en: <val ue>
SpyeePriority: <val ue>
SpyeeUni quei d: <val ue>

SpyeelLi nkedi d: <val ue>

Arguments

® Spyer Channel
® Spyer Channel St at e - A numeric code for the channel's current state, related to SpyerChannelStateDesc
® Spyer Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Spyer Cal | er | DNum
Spyer Cal | er | DNare
Spyer Connect edLi neNum
Spyer Connect edLi neNane
Spyer Account Code
Spyer Cont ext
Spyer Ext en
SpyerPriority
Spyer Uni quei d
Spyer Li nkedi d - Uniqueid of the oldest channel associated with this channel.
SpyeeChannel
SpyeeChannel St at e - A numeric code for the channel's current state, related to SpyeeChannelStateDesc
SpyeeChannel St at eDesc
¢ Down
® Rsrvd
® O f Hook
® Dialing

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

282



® Ring

® Ringing

* W

® Busy

® Dialing Ofhook
® Pre-ring

® Unknown

SpyeeCal | er | DNum

SpyeeCal | er | DNane

SpyeeConnect edLi neNum

SpyeeConnect edLi neName

SpyeeAccount Code

SpyeeCont ext

SpyeeExt en

SpyeePriority

SpyeeUni quei d

SpyeelLi nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also

® Asterisk 14 Application_ChanSpyStart

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeEnd
ConfbridgeEnd

Synopsis
Raised when a conference ends.
Description

Syntax

Event: Conf bri dgeEnd

Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments

Conf er ence - The name of the Confbridge conference.

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Br i dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge

Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeStart
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeJoin

Con

fbridgeJoin

Synopsis

Raised

when a channel joins a Confbridge conference.

Description

Syntax

Event: ConfbridgeJoin
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Adni n: <val ue>

Arguments
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Conf er ence - The name of the Confbridge conference.

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable

Bri dgeNuntChannel s - Number of channels in the bridge
Channel

Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc

Channel St at eDesc
¢ Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Cal | er | DNum

Cal | er | DNare

Connect edLi neNum

Connect edLi neNare

Account Code

Cont ext

Ext en

Priority

Uni quei d

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Admi n - Identifies this user as an admin user.
® Yes
® No
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Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeLeave
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgelLeave

Con

fbridgeLeave

Synopsis

Raised

when a channel leaves a Confbridge conference.

Description

Syntax

Event: ConfbridgelLeave
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Adni n: <val ue>

Arguments
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Conf er ence - The name of the Confbridge conference.

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable

Bri dgeNuntChannel s - Number of channels in the bridge
Channel

Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc

Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Admi n - Identifies this user as an admin user.
® Yes
® No
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Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeJoin
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeMute
ConfbridgeMute

Synopsis
Raised when a Confbridge participant mutes.
Description

Syntax

Event: ConfbridgeMite
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Adni n: <val ue>

Arguments

Conf er ence - The name of the Confbridge conference.
Bri dgeUni quei d
Bri dgeType - The type of bridge
Bri dgeTechnol ogy - Technology in use by the bridge
Bri dgeCr eat or - Entity that created the bridge if applicable
Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DName
Connect edLi neNum
Connect edLi neNanme
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Admi n - Identifies this user as an admin user.
® Yes
®* No
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Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeUnmute
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeRecord
ConfbridgeRecord

Synopsis
Raised when a conference starts recording.
Description

Syntax

Event: ConfbridgeRecord
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments

Conf er ence - The name of the Confbridge conference.

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Br i dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge

Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeStopRecord
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeStart
ConfbridgeStart

Synopsis
Raised when a conference starts.
Description

Syntax

Event: ConfbridgeStart
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments

Conf er ence - The name of the Confbridge conference.

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Br i dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge

Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeEnd
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeStopRecord
ConfbridgeStopRecord

Synopsis
Raised when a conference that was recording stops recording.
Description

Syntax

Event: Confbri dgeSt opRecord
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>

Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>

Arguments

Conf er ence - The name of the Confbridge conference.

Bri dgeUni quei d

Bri dgeType - The type of bridge

Bri dgeTechnol ogy - Technology in use by the bridge

Bri dgeCr eat or - Entity that created the bridge if applicable

Br i dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge

Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeRecord
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeTalking

Con

fbridgeTalking

Synopsis

Raised

when a confbridge participant unmutes.

Description

Syntax

Event: ConfbridgeTal ki ng
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Tal ki ngSt atus: <val ue>
Adnmi n: <val ue>

Arguments

Content is

Conf er ence - The name of the Confbridge conference.
Bri dgeUni quei d
Bri dgeType - The type of bridge
Bri dgeTechnol ogy - Technology in use by the bridge
Bri dgeCr eat or - Entity that created the bridge if applicable
Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DName
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Tal ki ngSt at us
® on
® off
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® Admi n - Identifies this user as an admin user.

® Yes
® No
Class
CALL
See Also

® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ConfbridgeUnmute
ConfbridgeUnmute

Synopsis
Raised when a confbridge participant unmutes.
Description

Syntax

Event: ConfbridgeUnnute
Conf erence: <val ue>

Bri dgeUni quei d: <val ue>
Bri dgeType: <val ue>

Bri dgeTechnol ogy: <val ue>
BridgeCreator: <val ue>

Bri dgeNane: <val ue>

Bri dgeNunChannel s: <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Adni n: <val ue>

Arguments

Conf er ence - The name of the Confbridge conference.
Bri dgeUni quei d
Bri dgeType - The type of bridge
Bri dgeTechnol ogy - Technology in use by the bridge
Bri dgeCr eat or - Entity that created the bridge if applicable
Bri dgeNane - Name used to refer to the bridge by its BridgeCreator if applicable
Bri dgeNuntChannel s - Number of channels in the bridge
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DName
Connect edLi neNum
Connect edLi neNanme
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Admi n - Identifies this user as an admin user.
® Yes
®* No
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Class

CALL

See Also

® Asterisk 14 ManagerEvent_ConfbridgeMute
® Asterisk 14 Application_ConfBridge

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 297



Asterisk 14 ManagerEvent_ContactStatus
ContactStatus

Synopsis
Raised when the state of a contact changes.
Description

Syntax

Event: Contact Status
URI: <val ue>

Cont act Status: <val ue>
AOR: <val ue>

Endpoi nt Nanme: <val ue>
Roundtri pUsec: <val ue>
User Agent : <val ue>
RegExpire: <val ue>

Vi aAddr ess: <val ue>
Cal 11 D <val ue>

Arguments

® URI - This contact's URI.
® Cont act St at us - New status of the contact.

® Unknown
® Unreachabl e
® Reachabl e
® Created
® Renoved
¢ Updat ed
® AOR- The name of the associated aor.
® Endpoi nt Nane - The name of the associated endpoint.
® Roundtri pUsec - The RTT measured during the last qualify.
® User Agent - Content of the User-Agent header in REGISTER request
® RegExpi r e - Absolute time that this contact is no longer valid after
® Vi aAddr ess - IP address:port of the last Via header in REGISTER request
® Cal I I D- Content of the Call-ID header in REGISTER request
Class
SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ContactStatusDetail
ContactStatusDetail

Synopsis
Provide details about a contact's status.
Description

Syntax

Event: ContactStatusDetail
AOR: <val ue>

URI: <val ue>

Status: <val ue>

Roundtri pUsec: <val ue>
Endpoi nt Nanme: <val ue>
User Agent : <val ue>
RegExpire: <val ue>

Vi aAddr ess: <val ue>

Cal 11 D <val ue>

Arguments

® ACR- The AoR that owns this contact.
® URI - This contact's URI.
® Status - This contact's status.

® Reachabl e

® Unreachabl e
Roundt ri pUsec - The round trip time in microseconds.
Endpoi nt Nane - The name of the endpoint associated with this information.
User Agent - Content of the User-Agent header in REGISTER request
RegExpi r e - Absolute time that this contact is no longer valid after
Vi aAddr ess - IP address:port of the last Via header in REGISTER request
Cal | | D- Content of the Call-ID header in REGISTER request

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

299



Asterisk 14 ManagerEvent_CoreShowChannel
CoreShowChannel

Synopsis
Raised in response to a CoreShowChannels command.
Description

Syntax

Event: Cor eShowChanne
Actionl D <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Bridgeld: <val ue>
Appl i cation: <val ue>

Appl i cationData: <val ue>
Duration: <val ue>

Arguments

Act i onl D- ActionID for this transaction. Will be returned.
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di aling O fhook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNarre
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Bri dgel d - Identifier of the bridge the channel is in, may be empty if not in one
Appl i cati on - Application currently executing on the channel
Appl i cati onDat a - Data given to the currently executing application
Dur at i on - The amount of time the channel has existed

Class

CALL

See Also

® Asterisk 14 ManagerAction_CoreShowChannels

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

300



® Asterisk 14 ManagerEvent_CoreShowChannelsComplete

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67
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Asterisk 14 ManagerEvent_CoreShowChannelsComplete
CoreShowChannelsComplete

Synopsis

Raised at the end of the CoreShowChannel list produced by the CoreShowChannels command.

Description

Syntax

Event: Cor eShowChannel sConpl et e
Actionl D <val ue>
Event List: <val ue>
Listltens: <val ue>

Arguments

® Acti onl D- ActionlD for this transaction. Will be returned.
® Event Li st - Conveys the status of the command reponse list
® Listltemns - The total number of list items produced

Class

CALL

See Also

® Asterisk 14 ManagerAction_CoreShowChannels
® Asterisk 14 ManagerEvent_CoreShowChannel

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67
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Asterisk 14 ManagerEvent_DAHDIChannel
DAHDIChannel

Synopsis
Raised when a DAHDI channel is created or an underlying technology is associated with a DAHDI channel.
Description

Syntax

Event: DAHDI Channel
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

DAHDI Span: <val ue>

DAHDI Channel : <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
DAHDI Span - The DAHDI span associated with this channel.
DAHDI Channel - The DAHDI channel associated with this channel.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_DeviceStateChange
DeviceStateChange

Synopsis

Raised when a device state changes

Description

This differs from the Ext ensi onSt at us event because this event is raised for all device state changes, not only for changes that affect dialplan hints.

Syntax

Event: Devi ceStat eChange
Devi ce: <val ue>
State: <val ue>

Arguments

® Devi ce - The device whose state has changed
® St at e - The new state of the device

Class

CALL

See Also

® Asterisk 14 ManagerEvent_ExtensionStatus

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67
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Asterisk 14 ManagerEvent_DeviceStateListComplete
DeviceStateListComplete

Synopsis

Indicates the end of the list the current known extension states.

Description

Syntax

Event: DeviceStatelLi st Conplete
Event Li st: <val ue>
Listltens: <val ue>

Arguments

® Event Li st - Conveys the status of the event list.
® Listltemns - Conveys the number of statuses reported.

Class

COMMAND

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_DialBegin
DialBegin

Synopsis
Raised when a dial action has started.
Description

Syntax

Event: Dial Begin

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>

Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>

Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>

Dial String: <val ue>

Arguments

¢ Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Dest Channel
® Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
® Dest Channel St at eDesc
¢ Down
® Rsrvd
¢ O f Hook
® Dialing
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® Ring

® Ringing

* W

® Busy

® Dialing Ofhook
® Pre-ring

® Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum

Dest Connect edLi neNane

Dest Account Code

Dest Cont ext

Dest Ext en

DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Di al Stri ng - The non-technology specific device being dialed.

Class

CALL

See Also

® Asterisk 14 Application_Dial

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_DialEnd
DialEnd

Synopsis
Raised when a dial action has completed.
Description

Syntax

Event: Dial End

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>

Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>

Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>

Di al Status: <val ue>
[Forward:] <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Dest Channel
® Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
® Dest Channel St at eDesc
¢ Down
® Rsrvd
® O f Hook
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Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook
Pre-ring
Unknown

Dest Cal | er | DNum

Dest Cal | er | DNane

Dest Connect edLi neNum

Dest Connect edLi neNane

Dest Account Code

Dest Cont ext

Dest Ext en

DestPriority

Dest Uni quei d

Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Di al St at us - The result of the dial operation.

ABORT - The call was aborted.

ANSVEER - The caller answered.

BUSY - The caller was busy.

CANCEL - The caller cancelled the call.

CHANUNAVAI L - The requested channel is unavailable.

CONGESTI ON - The called party is congested.

CONTI NUE - The dial completed, but the caller elected to continue in the dialplan.
GOTO- The dial completed, but the caller jumped to a dialplan location.

If known, the location the caller is jumping to will be appended to the result following a ":".

NOANSWER - The called party failed to answer.

®* Forwar d - If the call was forwarded, where the call was forwarded to.

Class

CALL

See Also

® Asterisk 14 Application_Dial

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_DialState
DialState

Synopsis
Raised when dial status has changed.
Description

Syntax

Event: Dial State

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Dest Channel : <val ue>

Dest Channel State: <val ue>
Dest Channel St at eDesc: <val ue>
Dest Cal | er | DNum <val ue>

Dest Cal | er | DNanme: <val ue>
Dest Connect edLi neNum <val ue>
Dest Connect edLi neName: <val ue>
Dest Account Code: <val ue>

Dest Cont ext: <val ue>

Dest Exten: <val ue>
DestPriority: <value>

Dest Uni quei d: <val ue>

Dest Li nkedi d: <val ue>

Di al Status: <val ue>
[Forward:] <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Dest Channel
® Dest Channel St at e - A numeric code for the channel's current state, related to DestChannelStateDesc
® Dest Channel St at eDesc
¢ Down
® Rsrvd
® O f Hook
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Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Dest Cal | er | DNum
Dest Cal | er | DNane
Dest Connect edLi neNum
Dest Connect edLi neNane
Dest Account Code
Dest Cont ext
Dest Ext en
DestPriority
Dest Uni quei d
Dest Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Di al St at us - The new state of the outbound dial attempt.
® RI NG NG- The outbound channel is ringing.
® PROCEEDI NG- The call to the outbound channel is proceeding.
® PROGRESS - Progress has been received on the outbound channel.
® Forwar d - If the call was forwarded, where the call was forwarded to.

Class

CALL

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_DNDState
DNDState

Synopsis
Raised when the Do Not Disturb state is changed on a DAHDI channel.
Description

Syntax

Event: DNDSt ate
DAHDI Channel : <val ue>
Status: <val ue>

Arguments

¢ DAHDI Channel - The DAHDI channel on which DND status changed.

Note
This is not an Asterisk channel identifier.

® Status
® enabl ed
® di sabl ed
Class
SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_DTMFBegin
DTMFBegin

Synopsis
Raised when a DTMF digit has started on a channel.
Description

Syntax

Event: DTMFBegin

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Digit: <val ue>

Direction: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid

® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Digit - DTMF digit received or transmitted (0-9, A-E, # or *
® Direction

® Received
® Sent
Class
DTMF
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ DTMFENd
DTMFENd

Synopsis
Raised when a DTMF digit has ended on a channel.
Description

Syntax

Event: DTMFEnd

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Digit: <val ue>
DurationMs: <val ue>
Direction: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Di gi t - DTMF digit received or transmitted (0-9, A-E, # or *

Dur at i onMs - Duration (in milliseconds) DTMF was sent/received

® Direction

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]
[ ]

® Received
® Sent
Class
DTMF
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_EndpointDetail
EndpointDetail

Synopsis
Provide details about an endpoint section.
Description

Syntax

Event: EndpointDetai |

bj ect Type: <val ue>

Obj ect Nanme: <val ue>
Context: <val ue>

Di sal | ow. <val ue>

All ow. <val ue>

Dt nf Mode: <val ue>

Rt pl pv6: <val ue>

Rt pSymmetric: <val ue>

| ceSupport: <val ue>
UsePtime: <val ue>
ForceRport: <val ue>
RewriteContact: <val ue>
Transport: <val ue>

Qut boundPr oxy: <val ue>
MbhSuggest: <val ue>

100rel : <val ue>

Tinmers: <val ue>

Ti mersM nSe: <val ue>

Ti mer sSessExpi res: <val ue>
Aut h: <val ue>

Qut boundAut h: <val ue>

Aors: <val ue>

Medi aAddr ess: <val ue>

I dentifyBy: <val ue>

Di rect Medi a: <val ue>

Di rect Medi aMet hod: <val ue>
Connect edLi neMet hod: <val ue>
Direct Medi ad areM ti gation: <val ue>
Di sabl eDi rect Medi aOnNat : <val ue>
Cal lerid: <val ue>

Cal l eridPrivacy: <val ue>
Cal l eridTag: <val ue>
Trust|dl nbound: <val ue>
Trust | dQut bound: <val ue>
SendPai : <val ue>

SendRpi d: <val ue>

SendDi ver si on: <val ue>

Mai | boxes: <val ue>

Aggr egat eMni : <val ue>

Medi aEncryption: <val ue>
Medi aEncryptionOptimstic: <val ue>
UseAvpf: <val ue>

For ceAvp: <val ue>

Medi aUseRecei vedTransport: <val ue>
OneTouchRecordi ng: <val ue>
| nbandPr ogress: <val ue>
Cal | Group: <val ue>

Pi ckupG oup: <val ue>
NanmedCal | Group: <val ue>
NanmedPi ckupG oup: <val ue>
Devi ceSt at eBusyAt : <val ue>
T38Udpt | : <val ue>

T38Udpt | Ec: <val ue>
T38Udpt | Maxdat agram <val ue>
FaxDet ect: <val ue>

T38Udpt | Nat : <val ue>
T38Udpt | | pv6: <val ue>
ToneZone: <val ue>
Language: <val ue>

Recor dOnFeat ure: <val ue>
Recor dOf f Feat ure: <val ue>
Al | owTransfer: <val ue>
User EqPhone: <val ue>
MohPasst hr ough: <val ue>
SdpOaner: <val ue>

SdpSessi on: <val ue>
TosAudi 0: <val ue>

TosVi deo: <val ue>

CosAudi 0: <val ue>

CosVi deo: <val ue>
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Al'l owSubscri be: <val ue>
SubM nExpiry: <val ue>
FromUser: <val ue>
FronDomai n: <val ue>

Mni Fronmser: <val ue>

Rt pEngi ne: <val ue>
DtIsVerify: <val ue>

Dt | sRekey: <val ue>
DtlsCertFile: <value>
Dt | sPrivateKey: <val ue>
Dt | sCi pher: <val ue>

Dt| sCaFil e: <val ue>

Dt | sCaPat h: <val ue>

Dt | sSetup: <val ue>
SrtpTag32: <val ue>

Redi rect Met hod: <val ue>
Set Var: <val ue>
MessageCont ext: <val ue>
Account code: <val ue>
Devi ceState: <val ue>
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ActiveChannel s: <val ue>
Subscri beCont ext: <val ue>

Arguments

Obj ect Type - The object's type. This will always be 'endpoint'.

Obj ect Nane - The name of this object.

Cont ext - Dialplan context for inbound sessions

Di sal | ow- Media Codec(s) to disallow

Al | ow- Media Codec(s) to allow

Dt nf Mode - DTMF mode

Rt pl pv6 - Allow use of IPv6 for RTP traffic

Rt pSymmet ri c - Enforce that RTP must be symmetric

| ceSupport - Enable the ICE mechanism to help traverse NAT

UsePt i ne - Use Endpoint's requested packetisation interval

For ceRport - Force use of return port

Rewr i t eCont act - Allow Contact header to be rewritten with the source IP address-port

Transport - Desired transport configuration

Qut boundPr oxy - Proxy through which to send requests, a full SIP URI must be provided

MohSuggest - Default Music On Hold class

100r el - Allow support for RFC3262 provisional ACK tags

Ti mer s - Session timers for SIP packets

Ti mer sM nSe - Minimum session timers expiration period

Ti mer sSessExpi r es - Maximum session timer expiration period

Aut h - Authentication Object(s) associated with the endpoint

Qut boundAut h - Authentication object used for outbound requests

Aor s - AoR(s) to be used with the endpoint

Medi aAddr ess - IP address used in SDP for media handling

I dent i f yBy - Way(s) for Endpoint to be identified

Di r ect Medi a - Determines whether media may flow directly between endpoints.

Di r ect Medi aMet hod - Direct Media method type

Connect edLi neMet hod - Connected line method type

Di rect Medi ad areM ti gati on - Mitigation of direct media (re)INVITE glare

Di sabl eDi rect Medi aOnNat - Disable direct media session refreshes when NAT obstructs the media session
Cal | eri d - CallerID information for the endpoint

Cal | eri dPri vacy - Default privacy level

Cal | eri dTag - Internal id_tag for the endpoint

Trust | dl nbound - Accept identification information received from this endpoint

Trust | dCQut bound - Send private identification details to the endpoint.

SendPai - Send the P-Asserted-ldentity header

SendRpi d - Send the Remote-Party-ID header

SendDi ver si on - Send the Diversion header, conveying the diversion information to the called user agent
Mai | boxes - NOTIFY the endpoint when state changes for any of the specified mailboxes

Aggr egat eMr - Condense MWI notifications into a single NOTIFY.

Medi aEncr ypt i on - Determines whether res_pjsip will use and enforce usage of media encryption for this endpoint.
Medi aEncrypti onOpti mi sti c - Determines whether encryption should be used if possible but does not terminate the session if not
achieved.

UseAvpf - Determines whether res_pjsip will use and enforce usage of AVPF for this endpoint.

® For ceAvp - Determines whether res_pjsip will use and enforce usage of AVP, regardless of the RTP profile in use for this endpoint.
Medi aUseRecei vedTr ansport - Determines whether res_pjsip will use the media transport received in the offer SDP in the
corresponding answer SDP.

OneTouchRecor di ng - Determines whether one-touch recording is allowed for this endpoint.

I nbandPr ogr ess - Determines whether chan_pjsip will indicate ringing using inband progress.

Cal | Group - The numeric pickup groups for a channel.

Pi ckupG oup - The numeric pickup groups that a channel can pickup.

NanedCal | Gr oup - The named pickup groups for a channel.

NamedPi ckupGr oup - The named pickup groups that a channel can pickup.

Devi ceSt at eBusyAt - The number of in-use channels which will cause busy to be returned as device state
T38Udpt | - Whether T.38 UDPTL support is enabled or not

T38Udpt | Ec - T.38 UDPTL error correction method

T38Udpt | Maxdat agr am- T.38 UDPTL maximum datagram size

FaxDet ect - Whether CNG tone detection is enabled

T38Udpt | Nat - Whether NAT support is enabled on UDPTL sessions

T38Udpt | | pv6 - Whether IPv6 is used for UDPTL Sessions

ToneZone - Set which country's indications to use for channels created for this endpoint.

Language - Set the default language to use for channels created for this endpoint.

Recor dOnFeat ur e - The feature to enact when one-touch recording is turned on.
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Class

Recor dOF f Feat ur e - The feature to enact when one-touch recording is turned off.
Al | owTr ansf er - Determines whether SIP REFER transfers are allowed for this endpoint

User EqPhone - Determines whether a user=phone parameter is placed into the request URI if the user is determined to be a phone

number

MbohPasst hr ough - Determines whether hold and unhold will be passed through using re-INVITEs with recvonly and sendrecv to the

remote side

SdpOaner - String placed as the username portion of an SDP origin (0=) line.

SdpSessi on - String used for the SDP session (s=) line.

TosAudi o - DSCP TOS bits for audio streams

TosVi deo - DSCP TOS bits for video streams

CosAudi o - Priority for audio streams

CosVi deo - Priority for video streams

Al | owSubscri be - Determines if endpoint is allowed to initiate subscriptions with Asterisk.
SubM nExpi ry - The minimum allowed expiry time for subscriptions initiated by the endpoint.
FronUser - Username to use in From header for requests to this endpoint.

Fr onDonai n - Domain to user in From header for requests to this endpoint.

Mn FronmUser - Username to use in From header for unsolicited MWI NOTIFYSs to this endpoint.

Rt pEngi ne - Name of the RTP engine to use for channels created for this endpoint

Dt | sVeri fy - Verify that the provided peer certificate is valid

Dt | sRekey - Interval at which to renegotiate the TLS session and rekey the SRTP session

Dt | sCert Fi | e - Path to certificate file to present to peer

Dt | sPri vat eKey - Path to private key for certificate file

Dt | sCi pher - Cipher to use for DTLS negotiation

Dt | sCaFi | e - Path to certificate authority certificate

Dt | sCaPat h - Path to a directory containing certificate authority certificates

Dt | sSet up - Whether we are willing to accept connections, connect to the other party, or both.
Srt pTag32 - Determines whether 32 byte tags should be used instead of 80 byte tags.

Redi r ect Met hod - How redirects received from an endpoint are handled

Set Var - Variable set on a channel involving the endpoint.

MessageCont ext - Context to route incoming MESSAGE requests to.

Account code - An accountcode to set automatically on any channels created for this endpoint.
Devi ceSt at e - The aggregate device state for this endpoint.

Act i veChannel s - The number of active channels associated with this endpoint.

Subscri beCont ext - Context for incoming MESSAGE requests.

COMMAND

See Also

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67
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Asterisk 14 ManagerEvent_EndpointDetailComplete
EndpointDetailComplete

Synopsis
Provide final information about endpoint details.
Description

Syntax

Event: Endpoi nt Det ai | Conpl ete
Event Li st: <val ue>
Listltens: <val ue>

Arguments

® EventLi st
® Listltems

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 319



Asterisk 14 ManagerEvent_EndpointList
EndpointList

Synopsis
Provide details about a contact's status.
Description

Syntax

Event: Endpoi ntLi st

bj ect Type: <val ue>

Obj ect Nanme: <val ue>
Transport: <val ue>

Aor: <val ue>

Aut hs: <val ue>

Qut boundAut hs: <val ue>
Devi ceState: <val ue>
ActiveChannel s: <val ue>

Arguments

Obj ect Type - The object's type. This will always be ‘endpoint'.

Obj ect Nane - The name of this object.

Transport - The transport configurations associated with this endpoint.

Aor - The aor configurations associated with this endpoint.

Aut hs - The inbound authentication configurations associated with this endpoint.

Devi ceSt at e - The aggregate device state for this endpoint.
Act i veChannel s - The number of active channels associated with this endpoint.

Class

COMMAND

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_EndpointListComplete
EndpointListComplete

Synopsis
Provide final information about an endpoint list.
Description

Syntax

Event: Endpoi ntLi st Conpl ete
Event Li st: <val ue>
Listltens: <val ue>

Arguments

® EventLi st
® Listltems

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ExtensionStateListComplete
ExtensionStateListComplete

Synopsis
Indicates the end of the list the current known extension states.
Description

Syntax

Event: ExtensionStatelListConplete
Event Li st: <val ue>
Listltens: <val ue>

Arguments

® Event Li st - Conveys the status of the event list.
® Listltemns - Conveys the number of statuses reported.

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ExtensionStatus
ExtensionStatus

Synopsis
Raised when a hint changes due to a device state change.
Description

Syntax

Event: ExtensionStatus
Exten: <val ue>

Cont ext: <val ue>
Hint: <val ue>
Status: <val ue>
StatusText: <val ue>
Arguments
® Ext en - Name of the extension.
® Cont ext - Context that owns the extension.
® Hi nt - Hint set for the extension
® St at us - Numerical value of the extension status. Extension status is determined by the combined device state of all items contained in

the hint.
® -2 -The extension was removed from the dialplan.

- 1 - The extension's hint was removed from the dialplan.
0 - Idle - Related device(s) are in an idle state.
1 - InUse - Related device(s) are in active calls but may take more calls.
2 - Busy - Related device(s) are in active calls and may not take any more calls.
4 - Unavailable - Related device(s) are not reachable.
8 - Ringing - Related device(s) are currently ringing.
9 - InUse&Ringing - Related device(s) are currently ringing and in active calls.
16 - Hold - Related device(s) are currently on hold.
17 - InUse&Hold - Related device(s) are currently on hold and in active calls.
® StatusText - Text representation of St at us.

® Idle
I nUse
Busy
Unavai | abl e
Ri ngi ng
I nUse&Ri ngi ng
Hol d
I nUse&Hol d
Unknown - Status does not match any of the above values.

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_FailedACL

FailedACL

Synopsis

Raised

when a request violates an ACL check.

Description

Syntax

Event: FailedACL
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>
Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
[ Modul e:] <val ue>

[ ACLNanme:] <val ue>

[ SessionTV:] <val ue>

Arguments

Event TV - The time the event was detected.
Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Renot eAddr ess - The remote address of the entity that caused the security event to be raised.

Mbdul e - If available, the name of the module that raised the event.
ACLNarne - If available, the name of the ACL that failed.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is

licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_FAXSession

FAXSession

Synopsis

Raised in response to FAXSession manager command
Description

Syntax

Event: FAXSession

[Actionl D] <val ue>

Sessi onNunber: <val ue>
Operation: <val ue>

State: <val ue>
[ErrorCorrectionhMde:] <val ue>
[ Dat aRate:] <val ue>

[ I mageResol ution:] <val ue>
[ PageNunber:] <val ue>

[Fil eNane:] <val ue>

[ PagesTransnmitted:] <val ue>
[ PagesRecei ved: ] <val ue>

[ Tot al BadLi nes:] <val ue>

Arguments

® ActionlD
Sessi onNunber - The numerical identifier for this particular session
® (perati on - FAX session operation type
® gat eway
V.21
send
receive
none
- Current state of the FAX session
Uninitialized
Initialized
Open

e
[ ]
[ ]
[ ]
® Active
[ ]
[ ]
[ ]
[ ]

® Stat

Conpl et e
Reser ved
I nactive
Unknown
® ErrorCorrecti onMbde - Whether error correcting mode is enabled for the FAX session. This field is not included when operation is
'V.21 Detect' or if operation is 'gateway' and state is 'Uninitialized'
® yes
® no
® Dat aRat e - Bit rate of the FAX. This field is not included when operation is 'V.21 Detect' or if operation is 'gateway' and state is
‘Uninitialized'.
* | mageResol uti on - Resolution of each page of the FAX. Will be in the format of X_RESxY_RES. This field is not included if the
operation is anything other than Receive/Transmit.
® PageNunber - Current number of pages transferred during this FAX session. May change as the FAX progresses. This field is not
included when operation is 'V.21 Detect' or if operation is ‘gateway' and state is 'Uninitialized'".
* Fi | eNane - Filename of the image being sent/recieved for this FAX session. This field is not included if Operation isn't 'send' or 'receive'.
® PagesTransnitted - Total number of pages sent during this session. This field is not included if Operation isn't 'send' or ‘receive’. Will
always be 0 for 'receive'.
® PagesRecei ved - Total number of pages received during this session. This field is not included if Operation is not 'send' or ‘receive’. Will
be 0 for 'send'.
® Tot al BadLi nes - Total number of bad lines sent/recieved during this session. This field is not included if Operation is not 'send' or
‘received'.

Class

REPORTING

See Also

Import Version
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Asterisk 14 ManagerEvent_FAXSessionsComplete
FAXSessionsComplete

Synopsis

Raised when all FAXSession events are completed for a FAXSessions command

Description

Syntax

Event: FAXSessi onsConpl ete
[Actionl D] <val ue>
Total : <val ue>

Arguments

® ActionlD
® Tot al - Count of FAXSession events sent in response to FAXSessions action

Class
CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent FAXSessionsEntry
FAXSessionsEntry

Synopsis
A single list item for the FAXSessions AMI command
Description

Syntax

Event: FAXSessionsEntry
[Actionl D] <val ue>
Channel : <val ue>
Technol ogy: <val ue>
Sessi onNunber: <val ue>
Sessi onType: <val ue>
Oper ation: <val ue>
State: <val ue>

Files: <val ue>

Arguments

Actionl D
Channel - Name of the channel responsible for the FAX session
Technol ogy - The FAX technology that the FAX session is using
Sessi onNumber - The numerical identifier for this particular session
Sessi onType - FAX session passthru/relay type
* G711
® T.38
® (perati on - FAX session operation type
® gat eway
V. 21
send
receive
none
- Current state of the FAX session
Uninitialized
Initialized
Open

e
[ ]
[ ]
[ ]
® Active
[ ]
[ ]
[ ]
[ ]

® Stat

Conpl et e
Reserved
I nactive
Unknown
® Fil es - File or list of files associated with this FAX session

Class

REPORTING
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_FAXStats
FAXStats

Synopsis
Raised in response to FAXStats manager command
Description

Syntax

Event: FAXStats

[Actionl D] <val ue>
Current Sessi ons: <val ue>
ReservedSessi ons: <val ue>
Transmit Attenpts: <val ue>
Recei veAttenpts: <val ue>
Conpl et edFAXes: <val ue>
Fai | edFAXes: <val ue>

Arguments
® ActionlD
® Current Sessi ons - Number of active FAX sessions
® ReservedSessi ons - Number of reserved FAX sessions
® Transm t Att enpt s - Total FAX sessions for which Asterisk is/was the transmitter
® Recei veAtt enpt s - Total FAX sessions for which Asterisk is/was the recipient
® Conpl et edFAXes - Total FAX sessions which have been completed successfully
°

Fai | edFAXes - Total FAX sessions which failed to complete successfully

Class

REPORTING
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_FAXStatus
FAXStatus

Synopsis
Raised periodically during a fax transmission.
Description

Syntax

Event: FAXStatus

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Oper ation: <val ue>
Status: <val ue>

Local Stationl D <val ue>
Fi | eNane: <val ue>

Arguments

¢ Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
® O f Hook
® Dialing
®* Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call erl DNum
® Cal |l er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
¢ Cont ext
® Exten
® Priority
® Uni queid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® (peration
® gat eway
® receive
® send

® St at us - A text message describing the current status of the fax
® Local Stationl D- The value of the LOCALSTATI ONI D channel variable
® Fi | eNane - The files being affected by the fax operation

Class

CALL

See Also
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Asterisk 14 ManagerEvent_FullyBooted
FullyBooted

Synopsis

Raised when all Asterisk initialization procedures have finished.

Description

Syntax

Event: Ful | yBoot ed
Status: <val ue>
Uptime: <val ue>
Last Rel oad: <val ue>

Arguments

® Stat us - Informational message
® Upti me - Seconds since start
® Last Rel oad - Seconds since last reload

Class

SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_Hangup
Hangup

Synopsis
Raised when a channel is hung up.
Description

Syntax

Event: Hangup

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Cause: <val ue>

Cause-txt: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Cause - A numeric cause code for why the channel was hung up.
Cause-t xt - A description of why the channel was hung up.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_HangupHandlerPop
HangupHandlerPop

Synopsis
Raised when a hangup handler is removed from the handler stack by the CHANNEL() function.
Description

Syntax

Event: HangupHandl er Pop
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Handl er: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Handl er - Hangup handler parameter string passed to the Gosub application.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

DIALPLAN

See Also

® Asterisk 14 ManagerEvent_HangupHandlerPush
® Asterisk 14 Function_ CHANNEL

Import Version
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Asterisk 14 ManagerEvent_HangupHandlerPush
HangupHandlerPush

Synopsis
Raised when a hangup handler is added to the handler stack by the CHANNEL() function.
Description

Syntax

Event: HangupHandl er Push
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Handl er: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc
® Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNane
Connect edLi neNum
Connect edLi neNane
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Handl er - Hangup handler parameter string passed to the Gosub application.

Class

DIALPLAN

See Also

® Asterisk 14 ManagerEvent_HangupHandlerPop
® Asterisk 14 Function_ CHANNEL

Import Version
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Asterisk 14 ManagerEvent_HangupHandlerRun
HangupHandlerRun

Synopsis
Raised when a hangup handler is about to be called.
Description

Syntax

Event: HangupHandl er Run
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Handl er: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Handl er - Hangup handler parameter string passed to the Gosub application.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

DIALPLAN
See Also

Import Version
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Asterisk 14 ManagerEvent_HangupRequest
HangupRequest

Synopsis
Raised when a hangup is requested.
Description

Syntax

Event: HangupRequest
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Cause: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Cause - A numeric cause code for why the channel was hung up.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_Hold

Hold

Synopsis

Raised when a channel goes on hold.
Description

Syntax

Event: Hold

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Musi cd ass: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Musi cd ass - The suggested MusicClass, if provided.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_ldentifyDetail
IdentifyDetail

Synopsis
Provide details about an identify section.
Description

Syntax

Event: IdentifyDetail
bj ect Type: <val ue>
Obj ect Nanme: <val ue>
Endpoi nt: <val ue>

Mat ch: <val ue>

Endpoi nt Nanme: <val ue>

Arguments

Ohj ect Type - The object's type. This will always be ‘identify".

Obj ect Nane - The name of this object.

Endpoi nt - Name of Endpoint

Mat ch - IP addresses or networks to match against

Endpoi nt Nane - The name of the endpoint associated with this information.

Class

COMMAND
See Also

Import Version
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Asterisk 14 ManagerEvent_InvalidAccountID
InvalidAccountID

Synopsis
Raised when a request fails an authentication check due to an invalid account ID.
Description

Syntax

Event: |nvalidAccount|D
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_InvalidPassword
InvalidPassword

Synopsis
Raised when a request provides an invalid password during an authentication attempt.
Description

Syntax

Event: |nvalidPassword
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

[ Chal | enge:] <val ue>

[ Recei vedChal | enge:] <val ue>
[ Reci evedHash:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - A relative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Chal | enge - The challenge that was sent.

Recei vedChal | enge - The challenge that was received.

Reci evedHash - The hash that was received.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_InvalidTransport
InvalidTransport

Synopsis
Raised when a request attempts to use a transport not allowed by the Asterisk service.
Description

Syntax

Event: InvalidTransport
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
Attenpt edTransport: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

At t enpt edTr ansport - The transport type that the request attempted to use.
Mbdul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_LoadAverageLimit
LoadAverageLimit

Synopsis
Raised when a request fails because a configured load average limit has been reached.
Description

Syntax

Event: LoadAveragelLimit
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_LocalBridge
LocalBridge

Synopsis
Raised when two halves of a Local Channel form a bridge.
Description

Syntax

Event: Local Bridge

Local OneChannel : <val ue>

Local OneChannel State: <val ue>
Local OneChannel St at eDesc: <val ue>
Local OneCal | er | DNum <val ue>
Local OneCal | er | DNane: <val ue>
Local OneConnect edLi neNum <val ue>
Local OneConnect edLi neName: <val ue>
Local OneAccount Code: <val ue>
Local OneCont ext: <val ue>

Local OneExten: <val ue>

Local OnePriority: <val ue>

Local OneUni quei d: <val ue>

Local OneLi nkedi d: <val ue>

Local TwoChannel : <val ue>

Local TwoChannel St ate: <val ue>
Local TwoChannel St at eDesc: <val ue>
Local TwoCal | er | DNum <val ue>
Local TwoCal | er | DNane: <val ue>
Local TwoConnect edLi neNum <val ue>
Local TwoConnect edLi neName: <val ue>
Local TwoAccount Code: <val ue>
Local TwoCont ext : <val ue>

Local TwoExt en: <val ue>

Local TwoPriority: <val ue>

Local TwoUni quei d: <val ue>

Local TwoLi nkedi d: <val ue>
Context: <val ue>

Exten: <val ue>

Local Optim zation: <val ue>

Arguments

® Local OneChannel
® Local OneChannel St at e - A numeric code for the channel's current state, related to LocalOneChannelStateDesc
® |ocal OneChannel St at eDesc
Down
Rsrvd
O f Hook
Di ali ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Local OneCal | er | DNum
Local OneCal | er | DNare
Local OneConnect edLi neNum
Local OneConnect edLi neNanme
Local OneAccount Code
Local OneCont ext
Local OneExt en
Local OnePriority
Local OneUni quei d
Local OneLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Local TwoChannel
Local TwoChannel St at e - A numeric code for the channel's current state, related to LocalTwoChannelStateDesc
Local TwoChannel St at eDesc

¢ Down

® Rsrvd

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Of f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Local TwoCal | er | DNum
Local TwoCal | er | DNane
Local TwoConnect edLi neNum
Local TwoConnect edLi neNane
Local TwoAccount Code
Local TwoCont ext
Local TwoExt en
Local TwoPriority
Local TwoUni quei d
Local TwoLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Cont ext - The context in the dialplan that Channel2 starts in.
Ext en - The extension in the dialplan that Channel2 starts in.
Local Opti mi zation
® Yes
®* No

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_LocalOptimizationBegin
LocalOptimizationBegin

Synopsis
Raised when two halves of a Local Channel begin to optimize themselves out of the media path.
Description

Syntax

Event: Local Opti ni zationBegin
Local OneChannel : <val ue>

Local OneChannel State: <val ue>
Local OneChannel St at eDesc: <val ue>
Local OneCal | er | DNum <val ue>
Local OneCal | er | DNane: <val ue>
Local OneConnect edLi neNum <val ue>
Local OneConnect edLi neName: <val ue>
Local OneAccount Code: <val ue>
Local OneCont ext: <val ue>

Local OneExten: <val ue>

Local OnePriority: <val ue>

Local OneUni quei d: <val ue>

Local OneLi nkedi d: <val ue>

Local TwoChannel : <val ue>

Local TwoChannel St ate: <val ue>
Local TwoChannel St at eDesc: <val ue>
Local TwoCal | er | DNum <val ue>
Local TwoCal | er | DNane: <val ue>
Local TwoConnect edLi neNum <val ue>
Local TwoConnect edLi neName: <val ue>
Local TwoAccount Code: <val ue>
Local TwoCont ext : <val ue>

Local TwoExt en: <val ue>

Local TwoPriority: <val ue>

Local TwoUni quei d: <val ue>

Local TwoLi nkedi d: <val ue>

Sour ceChannel : <val ue>

Sour ceChannel State: <val ue>

Sour ceChannel St at eDesc: <val ue>
Sour ceCal | er | DNum <val ue>

Sour ceCal | er | DName: <val ue>

Sour ceConnect edLi neNum  <val ue>
Sour ceConnect edLi neNare: <val ue>
Sour ceAccount Code: <val ue>

Sour ceCont ext: <val ue>

Sour ceExt en: <val ue>
SourcePriority: <val ue>

Sour ceUni quei d: <val ue>

Sour celLi nkedi d: <val ue>

Dest Uni quel d: <val ue>

Id: <val ue>

Arguments

® Local OneChannel

® Local OneChannel St at e - A numeric code for the channel's current state, related to LocalOneChannelStateDesc
® |ocal OneChannel St at eDesc
Down

Rsrvd

O f Hook

Di ali ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook
Pre-ring

Unknown

Local OneCal | er | DNum

Local OneCal | er | DNare

Local OneConnect edLi neNum
Local OneConnect edLi neNanme
Local OneAccount Code

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

346



Local OneCont ext
Local OneExt en
Local OnePriority
Local OneUni quei d
Local OneLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Local TwoChannel
Local TwoChannel St at e - A numeric code for the channel's current state, related to LocalTwoChannelStateDesc
Local TwoChannel St at eDesc
Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Local TwoCal | er | DNum
Local TwoCal | er | DNanme
Local TwoConnect edLi neNum
Local TwoConnect edLi neNane
Local TwoAccount Code
Local TwoCont ext
Local TwoExt en
Local TwoPriority
Local TwoUni quei d
Local TwoLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Sour ceChannel
Sour ceChannel St at e - A numeric code for the channel's current state, related to SourceChannelStateDesc
Sour ceChannel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Sour ceCal | er | DNum
Sour ceCal | er | DNarre
Sour ceConnect edLi neNum
Sour ceConnect edLi neNane
Sour ceAccount Code
Sour ceCont ext
Sour ceExt en
SourcePriority
Sour ceUni quei d
Sour ceLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Dest Uni quel d - The unique ID of the bridge into which the local channel is optimizing.
I d - Identification for the optimization operation.

Class

CALL

See Also

® Asterisk 14 ManagerEvent_LocalOptimizationEnd
® Asterisk 14 ManagerAction_LocalOptimizeAway

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_LocalOptimizationEnd
LocalOptimizationEnd

Synopsis
Raised when two halves of a Local Channel have finished optimizing themselves out of the media path.
Description

Syntax

Event: Local Opti mi zati onEnd

Local OneChannel : <val ue>

Local OneChannel State: <val ue>
Local OneChannel St at eDesc: <val ue>
Local OneCal | er | DNum <val ue>
Local OneCal | er | DNane: <val ue>
Local OneConnect edLi neNum <val ue>
Local OneConnect edLi neName: <val ue>
Local OneAccount Code: <val ue>
Local OneCont ext: <val ue>

Local OneExten: <val ue>

Local OnePriority: <val ue>

Local OneUni quei d: <val ue>

Local OneLi nkedi d: <val ue>

Local TwoChannel : <val ue>

Local TwoChannel St ate: <val ue>
Local TwoChannel St at eDesc: <val ue>
Local TwoCal | er | DNum <val ue>
Local TwoCal | er | DNane: <val ue>
Local TwoConnect edLi neNum <val ue>
Local TwoConnect edLi neName: <val ue>
Local TwoAccount Code: <val ue>
Local TwoCont ext : <val ue>

Local TwoExt en: <val ue>

Local TwoPriority: <val ue>

Local TwoUni quei d: <val ue>

Local TwoLi nkedi d: <val ue>
Success: <val ue>

Id: <val ue>

Arguments

® Local OneChannel
® Local OneChannel St at e - A numeric code for the channel's current state, related to LocalOneChannelStateDesc
® Local OneChannel St at eDesc
Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Local OneCal | er | DNum
Local OneCal | er | DNane
Local OneConnect edLi neNum
Local OneConnect edLi neNane
Local OneAccount Code
Local OneCont ext
Local OneExt en
Local OnePriority
Local OneUni quei d
Local OneLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Local TwoChannel
Local TwoChannel St at e - A numeric code for the channel's current state, related to LocalTwoChannelStateDesc
Local TwoChannel St at eDesc
¢ Down
® Rsrvd
® O f Hook
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Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Local TwoCal | er | DNum

Local TwoCal | er | DNare

Local TwoConnect edLi neNum

Local TwoConnect edLi neName

Local TwoAccount Code

Local TwoCont ext

Local TwoExt en

Local TwoPriority

Local TwoUni quei d

Local TwoLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Success - Indicates whether the local optimization succeeded.

I d - Identification for the optimization operation. Matches the Id from a previous Local Opti i zat i onBegi n

Class

CALL

See Also

® Asterisk 14 ManagerEvent_LocalOptimizationBegin
® Asterisk 14 ManagerAction_LocalOptimizeAway

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_LogChannel
LogChannel

Synopsis
Raised when a logging channel is re-enabled after a reload operation.
Description

Syntax

Event: LogChannel
Channel : <val ue>
Enabl ed: <val ue>

Arguments

® Channel - The name of the logging channel.
® Enabl ed

Class

SYSTEM

See Also

Synopsis

Raised when a logging channel is disabled.
Description

Syntax

Event: LogChannel
Channel : <val ue>
Enabl ed: <val ue>
Reason: <val ue>

Arguments

® Channel - The name of the logging channel.
® Enabl ed
® Reason

Class

SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_MCID
MCID

Synopsis
Published when a malicious call ID request arrives.
Description

Syntax

Event: MCID

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

MCal | er | DNunVval i d: <val ue>
MCal | er | DNum <val ue>

MCal | er I Dton: <val ue>

MCal | er | DNunPl an: <val ue>

MCal | er | DNunPres: <val ue>

MCal | er | DNaneVal i d: <val ue>
MCal | er | DNane: <val ue>

MCal | er | DNaneChar Set: <val ue>
MCal | er | DNanePres: <val ue>
MCal | er | DSubaddr: <val ue>

MCal | er | DSubaddr Type: <val ue>
MCal | er | DSubaddr Odd: <val ue>
MCal | er | DPres: <val ue>
MConnect edl DNunVal i d:  <val ue>
MConnect edl DNum  <val ue>
MConnect edl Dt on: <val ue>
MConnect edl DNunPl an: <val ue>
MConnect edl DNunPres: <val ue>
MConnect edl DNaneVal i d:  <val ue>
MConnect edl DNane: <val ue>
MConnect edl DNameChar Set:  <val ue>
MConnect edl DNanePres: <val ue>
MConnect edl DSubaddr : <val ue>
MConnect edl DSubaddr Type: <val ue>
MConnect edl DSubaddr Odd: <val ue>
MConnect edl DPres: <val ue>

Arguments

¢ Channel

® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc

® Channel St at eDesc
¢ Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Cal | er | DNum

Cal | er | DNare

Connect edLi neNum

Connect edLi neNare

Account Code

Cont ext

Ext en
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Priority

Uni quei d

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
MCal | er | DNunval i d

MCal | er | DNum

MCal | er | Dt on

MCal | er | DNunPl an

MCal | er | DNunPr es

MCal | er | DNaneVal i d

MCal | er | DNare

MCal | er | DNarreChar Set
MCal | er | DNarrePr es

MCal | er | DSubaddr

MCal | er | DSubaddr Type
MCal | er | DSubaddr Odd
MCal | er | DPr es

MConnect edl DNunVal i d
MConnect edl DNum
MConnect ed| Dt on
MConnect edl DNunPl an
MConnect edl DNunPr es
MConnect edl DNaneVal i d
MConnect edl DNane
MConnect edl DNaneChar Set
MConnect edl DNanePr es
MConnect edl DSubaddr
MConnect edl DSubaddr Type
MConnect edl DSubaddr Cdd
MConnect edl DPr es

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_MeetmeEnd
MeetmeEnd

Synopsis
Raised when a MeetMe conference ends.
Description

Syntax

Event: Meet neEnd
Meet me: <val ue>

Arguments

®* Meet me - The identifier for the MeetMe conference.

Class

CALL

See Also

® Asterisk 14 ManagerEvent_MeetmeJoin

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_MeetmeJoin
MeetmeJoin

Synopsis
Raised when a user joins a MeetMe conference.
Description

Syntax

Event: MeetneJoin

Meet me: <val ue>

Usernum <val ue>

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

Meet e - The identifier for the MeetMe conference.
User num- The identifier of the MeetMe user who joined.
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNarre
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also

® Asterisk 14 ManagerEvent_MeetmelLeave
® Asterisk 14 Application_MeetMe

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_MeetmelLeave
MeetmeLeave

Synopsis
Raised when a user leaves a MeetMe conference.
Description

Syntax

Event: Meet neLeave

Meet me: <val ue>

Usernum <val ue>

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Duration: <val ue>

Arguments

Meet e - The identifier for the MeetMe conference.
User num- The identifier of the MeetMe user who joined.
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dur at i on - The length of time in seconds that the Meetme user was in the conference.

Class

CALL

See Also

® Asterisk 14 ManagerEvent_MeetmeJoin

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_MeetmeMute
MeetmeMute

Synopsis
Raised when a MeetMe user is muted or unmuted.
Description

Syntax

Event: MeetneMite

Meet me: <val ue>

Usernum <val ue>

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Duration: <val ue>

Status: <val ue>

Arguments

Meet e - The identifier for the MeetMe conference.
User num- The identifier of the MeetMe user who joined.
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNarre
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dur at i on - The length of time in seconds that the Meetme user has been in the conference at the time of this event.
St at us
® on
® off

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_MeetmeTalking
MeetmeTalking

Synopsis
Raised when a MeetMe user begins or ends talking.
Description

Syntax

Event: Meet neTal ki ng

Meet me: <val ue>

Usernum <val ue>

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Duration: <val ue>

Status: <val ue>

Arguments

Meet e - The identifier for the MeetMe conference.
User num- The identifier of the MeetMe user who joined.
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNarre
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dur at i on - The length of time in seconds that the Meetme user has been in the conference at the time of this event.
St at us
® on
® off

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_MeetmeTalkRequest
MeetmeTalkRequest

Synopsis
Raised when a MeetMe user has started talking.
Description

Syntax

Event: Meet neTal kRequest
Meet me: <val ue>

Usernum <val ue>

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Duration: <val ue>

Status: <val ue>

Arguments

Meet e - The identifier for the MeetMe conference.
User num- The identifier of the MeetMe user who joined.
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DNarre
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Dur at i on - The length of time in seconds that the Meetme user has been in the conference at the time of this event.
St at us
® on
® off

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_MemoryLimit
MemoryLimit

Synopsis
Raised when a request fails due to an internal memory allocation failure.
Description

Syntax

Event: MenoryLimit
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>
Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_MessageWaiting
MessageWaiting

Synopsis

Raised when the state of messages in a voicemail mailbox has changed or when a channel has finished interacting with a mailbox.

Description

Note
The Channel related parameters are only present if a channel was involved in the manipulation of a mailbox. If no channel is involved, the
parameters are not included with the event.

Syntax

Event: MessageWaiting
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>
Mai | box: <val ue>

Wi ting: <val ue>

New. <val ue>

ad: <val ue>

Arguments

¢ Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Mai | box - The mailbox with the new message, specified as mai | box@cont ext
Wi ti ng - Whether or not the mailbox has messages waiting for it.

New - The number of new messages.

® A d - The number of old messages.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]
°

Class

CALL
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Asterisk 14 ManagerEvent_MiniVoiceMail
MiniVoiceMail

Synopsis

Raised when a natification is sent out by a MiniVoiceMail application
Description

Syntax

Event: M ni Voi ceMai |
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Action: <val ue>

Mai | box: <val ue>

Counter: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Act i on - What action was taken. Currently, this will always be Sent Noti fi cati on

Mai | box - The mailbox that the notification was about, specified as mai | box@cont ext
Count er - A message counter derived from the MVM_COUNTER channel variable.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]
[ ]
[ ]

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_MonitorStart
MonitorStart

Synopsis
Raised when monitoring has started on a channel.
Description

Syntax

Event: MnitorStart
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also
® Asterisk 14 ManagerEvent_MonitorStop

® Asterisk 14 Application_Monitor
® Asterisk 14 ManagerAction_Monitor

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

366



Asterisk 14 ManagerEvent_MonitorStop
MonitorStop

Synopsis
Raised when monitoring has stopped on a channel.
Description

Syntax

Event: Monitor Stop
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also
® Asterisk 14 ManagerEvent_MonitorStart

® Asterisk 14 Application_StopMonitor
® Asterisk 14 ManagerAction_StopMonitor

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_MusicOnHoldStart
MusicOnHoldStart

Synopsis
Raised when music on hold has started on a channel.
Description

Syntax

Event: MusicOnHol dStart
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

C ass: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® { ass - The class of music being played on the channel

Class

CALL

See Also

® Asterisk 14 ManagerEvent_MusicOnHoldStop
® Asterisk 14 Application_MusicOnHold

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_MusicOnHoldStop
MusicOnHoldStop

Synopsis
Raised when music on hold has stopped on a channel.
Description

Syntax

Event: Misi cOnHol dSt op
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also

® Asterisk 14 ManagerEvent_MusicOnHoldStart
® Asterisk 14 Application_StopMusicOnHold

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_ MWIGet
MWIGet

Synopsis
Raised in response to a MWIGet command.
Description

Syntax

Event: MA Get
[Actionl D] <val ue>
Mai | box: <val ue>

a dMessages: <val ue>
NewMessages: <val ue>

Arguments

Actionl D
Mai | box - Specific mailbox ID.
A dMessages - The number of old messages in the mailbox.

L]
L]
°
®* Newivessages - The number of new messages in the mailbox.

Class

REPORTING

See Also

® Asterisk 14 ManagerAction_MWIGet

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 370



Asterisk 14 ManagerEvent_ MWIGetComplete
MWIGetComplete

Synopsis
Raised in response to a MWIGet command.
Description

Syntax

Event: MA Get Conpl ete
[Actionl D] <val ue>
Event List: <val ue>
Listltens: <val ue>

Arguments
® ActionlD

® Event Li st
® Listltens - The number of mailboxes reported.

Class

REPORTING

See Also

® Asterisk 14 ManagerAction_MWIGet

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 371



Asterisk 14 ManagerEvent_NewAccountCode
NewAccountCode

Synopsis
Raised when a Channel's AccountCode is changed.
Description

Syntax

Event: NewAccount Code
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

a dAccount Code: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® (A dAccount Code - The channel's previous account code

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_NewCallerid
NewCallerid

Synopsis
Raised when a channel receives new Caller ID information.
Description

Syntax

Event: NewCallerid

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

CID-Cal lingPres: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
ClI D- Cal I'i ngPr es - A description of the Caller ID presentation.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_Newchannel
Newchannel

Synopsis
Raised when a new channel is created.
Description

Syntax

Event: Newchannel

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_NewExten
NewExten

Synopsis
Raised when a channel enters a new context, extension, priority.
Description

Syntax

Event: NewExten

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Ext ensi on: <val ue>
Application: <val ue>
AppDat a: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Appl i cati on - The application about to be executed.
AppDat a - The data to be passed to the application.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]
[ ]
[ ]

Class

DIALPLAN
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Ext ensi on - Deprecated in 12, but kept for backward compatability. Please use 'Exten’ instead.
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Asterisk 14 ManagerEvent_Newstate
Newstate

Synopsis
Raised when a channel's state changes.
Description

Syntax

Event: Newstate

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_OriginateResponse
OriginateResponse

Synopsis
Raised in response to an Originate command.
Description

Syntax

Event: Origi nat eResponse
[Actionl D] <val ue>
Response: <val ue>
Channel : <val ue>

Cont ext: <val ue>
Exten: <val ue>
Appl i cation: <val ue>
Dat a: <val ue>

Reason: <val ue>

Uni quei d: <val ue>

Cal | erl DNum <val ue>
Cal | er| DName: <val ue>

Arguments

® ActionlD
® Response
® Failure
® Success
Channel
Cont ext
Ext en
Application
Dat a
Reason
Uni quei d
Cal | er | DNum
Cal | er | DNane

Class

CALL

See Also

® Asterisk 14 ManagerAction_Originate

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_ParkedCall

ParkedCall

Synopsis

Raised when a channel is parked.
Description

Syntax

Event: ParkedCal |

Par keeChannel : <val ue>

Par keeChannel State: <val ue>

Par keeChannel St at eDesc: <val ue>
Par keeCal | er | DNum <val ue>

Par keeCal | er | DNane: <val ue>

Par keeConnect edLi neNum <val ue>
Par keeConnect edLi neNane: <val ue>
Par keeAccount Code: <val ue>

Par keeCont ext: <val ue>

Par keeExt en: <val ue>

Par keePriority: <value>

Par keeUni quei d: <val ue>

Par keeLi nkedi d: <val ue>
Parker Di al String: <val ue>

Par ki ngl ot: <val ue>

Par ki ngSpace: <val ue>

Par ki ngTi meout : <val ue>

Par ki ngDur ati on: <val ue>

Arguments

® Par keeChannel
® Par keeChannel St at e - A numeric code for the channel's current state, related to ParkeeChannelStateDesc
® Par keeChannel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Par keeCal | er | DNum
Par keeCal | er | DNane
Par keeConnect edLi neNum
Par keeConnect edLi neNane
Par keeAccount Code
Par keeCont ext
Par keeExt en
Par keePriority
Par keeUni quei d
Par keeLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Di al Stri ng - Dial String that can be used to call back the parker on ParkingTimeout.
Par ki ngl ot - Name of the parking lot that the parkee is parked in
Par ki ngSpace - Parking Space that the parkee is parked in
Par ki ngTi meout - Time remaining until the parkee is forcefully removed from parking in seconds
Par ki ngDur at i on - Time the parkee has been in the parking bridge (in seconds)

Class

CALL
See Also

Import Version

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_ParkedCallGiveUp
ParkedCallGiveUp

Synopsis
Raised when a channel leaves a parking lot because it hung up without being answered.
Description

Syntax

Event: ParkedCal | G veUp

Par keeChannel : <val ue>

Par keeChannel State: <val ue>

Par keeChannel St at eDesc: <val ue>
Par keeCal | er | DNum <val ue>

Par keeCal | er | DNane: <val ue>

Par keeConnect edLi neNum <val ue>
Par keeConnect edLi neNane: <val ue>
Par keeAccount Code: <val ue>

Par keeCont ext: <val ue>

Par keeExt en: <val ue>

Par keePriority: <value>

Par keeUni quei d: <val ue>

Par keeLi nkedi d: <val ue>

Par ker Channel : <val ue>

Par ker Channel State: <val ue>

Par ker Channel St at eDesc: <val ue>
Par ker Cal | er | DNum <val ue>

Par ker Cal | er | DNane: <val ue>

Par ker Connect edLi neNum <val ue>
Par ker Connect edLi neName: <val ue>
Par ker Account Code: <val ue>

Par ker Cont ext : <val ue>

Par ker Ext en: <val ue>
ParkerPriority: <value>

Par ker Uni quei d: <val ue>

Par ker Li nkedi d: <val ue>

Par ker Di al String: <val ue>

Par ki ngl ot : <val ue>

Par ki ngSpace: <val ue>

Par ki ngTi meout : <val ue>

Par ki ngDur ati on: <val ue>

Arguments

® Par keeChannel
®* Par keeChannel St at e - A numeric code for the channel's current state, related to ParkeeChannelStateDesc
® Par keeChannel St at eDesc
¢ Down
Rsrvd
O f Hook
Di ali ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Par keeCal | er | DNum
Par keeCal | er | DNanme
Par keeConnect edLi neNum
Par keeConnect edLi neNane
Par keeAccount Code
Par keeCont ext
Par keeExt en
Par keePriority
Par keeUni quei d
Par keeLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Channel
Par ker Channel St at e - A numeric code for the channel's current state, related to ParkerChannelStateDesc
Par ker Channel St at eDesc

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Down

Rsrvd

Of f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Par ker Cal | er | DNum

Par ker Cal | er | DNane

Par ker Connect edLi neNum

Par ker Connect edLi neNane

Par ker Account Code

Par ker Cont ext

Par ker Ext en

ParkerPriority

Par ker Uni quei d

Par ker Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Di al Stri ng - Dial String that can be used to call back the parker on ParkingTimeout.
Par ki ngl ot - Name of the parking lot that the parkee is parked in

Par ki ngSpace - Parking Space that the parkee is parked in

Par ki ngTi neout - Time remaining until the parkee is forcefully removed from parking in seconds
Par ki ngDur at i on - Time the parkee has been in the parking bridge (in seconds)

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 381



Asterisk 14 ManagerEvent_ParkedCallSwap

ParkedCallSwap

Synopsis

Raised when a channel takes the place of a previously parked channel

Description

This event is raised when a channel initially parked in the parking lot is swapped out with a different channel. The most common case for this is when an

attended transfer to a parking lot occurs. The Parkee information in the event will indicate the party that was swapped into the parking lot.

Syntax

Event: ParkedCal | Swap

Par keeChannel : <val ue>

Par keeChannel St ate: <val ue>

Par keeChannel St at eDesc: <val ue>
Par keeCal | er | DNum <val ue>

Par keeCal | er | DNane: <val ue>

Par keeConnect edLi neNum <val ue>
Par keeConnect edLi neNane: <val ue>
Par keeAccount Code: <val ue>

Par keeCont ext: <val ue>

Par keeExt en: <val ue>

Par keePriority: <value>

Par keeUni quei d: <val ue>

Par keeLi nkedi d: <val ue>

Par ker Channel : <val ue>

Par ker Channel State: <val ue>

Par ker Channel St at eDesc: <val ue>
Par ker Cal | er | DNum <val ue>

Par ker Cal | er | DNane: <val ue>

Par ker Connect edLi neNum <val ue>
Par ker Connect edLi neNane: <val ue>
Par ker Account Code: <val ue>

Par ker Cont ext: <val ue>

Par ker Ext en: <val ue>
ParkerPriority: <val ue>

Par ker Uni quei d: <val ue>

Par ker Li nkedi d: <val ue>

Par ker Di al String: <val ue>

Parki ngl ot: <val ue>

Par ki ngSpace: <val ue>

Par ki ngTi neout: <val ue>

Par ki ngDur ati on: <val ue>

Arguments

® Par keeChannel

® Par keeChannel St at e - A numeric code for the channel's current state, related to ParkeeChannelStateDesc

® Par keeChannel St at eDesc
¢ Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Par keeCal | er | DNum

Par keeCal | er | DNane

Par keeConnect edLi neNum

Par keeConnect edLi neNanme

Par keeAccount Code

Par keeCont ext

Par keeExt en

Par keePriority

Par keeUni quei d

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Par keeLi nkedi d - Uniqueid of the oldest channel associated with this channel.
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® Par ker Channel
® Par ker Channel St at e - A numeric code for the channel's current state, related to ParkerChannelStateDesc
® Par ker Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Par ker Cal | er | DNum
Par ker Cal | er | DNane
Par ker Connect edLi neNum
Par ker Connect edLi neNane
Par ker Account Code
Par ker Cont ext
Par ker Ext en
ParkerPriority
Par ker Uni quei d
Par ker Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Di al Stri ng - Dial String that can be used to call back the parker on ParkingTimeout.
Par ki ngl ot - Name of the parking lot that the parkee is parked in
Par ki ngSpace - Parking Space that the parkee is parked in
Par ki ngTi meout - Time remaining until the parkee is forcefully removed from parking in seconds
Par ki ngDur at i on - Time the parkee has been in the parking bridge (in seconds)

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_ParkedCallTimeOut

ParkedCallTimeOut

Synopsis

Raised when a channel leaves a parking lot due to reaching the time limit of being parked.

Description

Syntax

Event: ParkedCal | Ti meQut

Par keeChannel : <val ue>

Par keeChannel State: <val ue>

Par keeChannel St at eDesc: <val ue>
Par keeCal | er | DNum <val ue>

Par keeCal | er | DNane: <val ue>

Par keeConnect edLi neNum <val ue>
Par keeConnect edLi neNane: <val ue>
Par keeAccount Code: <val ue>

Par keeCont ext: <val ue>

Par keeExt en: <val ue>

Par keePriority: <value>

Par keeUni quei d: <val ue>

Par keeLi nkedi d: <val ue>

Par ker Channel : <val ue>

Par ker Channel State: <val ue>

Par ker Channel St at eDesc: <val ue>
Par ker Cal | er | DNum <val ue>

Par ker Cal | er | DNane: <val ue>

Par ker Connect edLi neNum <val ue>
Par ker Connect edLi neName: <val ue>
Par ker Account Code: <val ue>

Par ker Cont ext : <val ue>

Par ker Ext en: <val ue>
ParkerPriority: <value>

Par ker Uni quei d: <val ue>

Par ker Li nkedi d: <val ue>

Par ker Di al String: <val ue>

Par ki ngl ot : <val ue>

Par ki ngSpace: <val ue>

Par ki ngTi meout : <val ue>

Par ki ngDur ati on: <val ue>

Arguments

® Par keeChannel

®* Par keeChannel St at e - A numeric code for the channel's current state, related to ParkeeChannelStateDesc

® Par keeChannel St at eDesc
¢ Down

Rsrvd

O f Hook

Di ali ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Par keeCal | er | DNum

Par keeCal | er | DNanme

Par keeConnect edLi neNum

Par keeConnect edLi neNane

Par keeAccount Code

Par keeCont ext

Par keeExt en

Par keePriority

Par keeUni quei d

Par ker Channel

Par ker Channel St at eDesc

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Par keeLi nkedi d - Uniqueid of the oldest channel associated with this channel.

Par ker Channel St at e - A numeric code for the channel's current state, related to ParkerChannelStateDesc
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Down

Rsrvd

Of f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

Par ker Cal | er | DNum

Par ker Cal | er | DNane

Par ker Connect edLi neNum

Par ker Connect edLi neNane

Par ker Account Code

Par ker Cont ext

Par ker Ext en

ParkerPriority

Par ker Uni quei d

Par ker Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Di al Stri ng - Dial String that can be used to call back the parker on ParkingTimeout.
Par ki ngl ot - Name of the parking lot that the parkee is parked in

Par ki ngSpace - Parking Space that the parkee is parked in

Par ki ngTi neout - Time remaining until the parkee is forcefully removed from parking in seconds
Par ki ngDur at i on - Time the parkee has been in the parking bridge (in seconds)

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_PeerStatus
PeerStatus

Synopsis
Raised when the state of a peer changes.
Description

Syntax

Event: Peer Status
Channel Type: <val ue>
Peer: <val ue>

Peer St at us: <val ue>
Cause: <val ue>
Address: <val ue>
Port: <val ue>

Time: <val ue>

Arguments

® Channel Type - The channel technology of the peer.
® Peer - The name of the peer (including channel technology).
® Peer St at us - New status of the peer.

® Unknown
® Registered
® Unregistered
® Rejected
® Lagged
® Cause - The reason the status has changed.
® Address - New address of the peer.
® Port - New port for the peer.
* Ti ne - Time it takes to reach the peer and receive a response.
Class
SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_Pickup
Pickup

Synopsis
Raised when a call pickup occurs.
Description

Syntax

Event: Pickup

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Tar get Channel : <val ue>

Tar get Channel St ate: <val ue>

Tar get Channel St at eDesc: <val ue>
Target Cal | erl DNum <val ue>
Target Cal | er | DNanme: <val ue>

Tar get Connect edLi neNum <val ue>
Tar get Connect edLi neName: <val ue>
Tar get Account Code: <val ue>

Tar get Cont ext: <val ue>

Tar get Exten: <val ue>
TargetPriority: <val ue>

Tar get Uni quei d: <val ue>

Tar get Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call erl DNum
® Cal | er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Tar get Channel
® Tar get Channel St at e - A numeric code for the channel's current state, related to TargetChannelStateDesc
® Tar get Channel St at eDesc
¢ Down
® Rsrvd
® O f Hook
® Dialing

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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® Ring

® Ringing

* W

® Busy

® Dialing Ofhook
® Pre-ring

® Unknown

Tar get Cal | er | DNum

Tar get Cal | er | DNane

Tar get Connect edLi neNum

Tar get Connect edLi neName

Tar get Account Code

Tar get Cont ext

Tar get Ext en

TargetPriority

Tar get Uni quei d

Tar get Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_PresenceStateChange
PresenceStateChange

Synopsis

Raised when a presence state changes

Description

This differs from the Pr esencesSt at us event because this event is raised for all presence state changes, not only for changes that affect dialplan hints.

Syntax

Event: PresenceSt at eChange
Presentity: <val ue>
Status: <val ue>

Subt ype: <val ue>

Message: <val ue>

Arguments

Presentity - The entity whose presence state has changed
St at us - The new status of the presentity
Subt ype - The new subtype of the presentity

L]
L]
°
® Message - The new message of the presentity

Class

CALL

See Also

® Asterisk 14 ManagerEvent_PresenceStatus

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 389



Asterisk 14 ManagerEvent_PresenceStateListComplete
PresenceStateListComplete

Synopsis
Indicates the end of the list the current known extension states.
Description

Syntax

Event: PresenceSt at eLi st Conpl ete
Event Li st: <val ue>
Listltens: <val ue>

Arguments

® Event Li st - Conveys the status of the event list.
® Listltemns - Conveys the number of statuses reported.

Class

COMMAND
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 390



Asterisk 14 ManagerEvent_PresenceStatus

PresenceStatus

Synopsis

Raised when a hint changes due to a presence state change.

Description

Syntax

Event
Ext en:
Cont ext :

St at us
Subt ype:
Message:

PresenceSt at us
<val ue>

<val ue>

Hint: <val ue>

<val ue>
<val ue>
<val ue>

Arguments

Class

CALL

Ext en
Cont ext
Hi nt

St atus
Subt ype
Message

See Also

Import

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_QueueCallerAbandon
QueueCallerAbandon

Synopsis
Raised when a caller abandons the queue.
Description

Syntax

Event: QueueCal | er Abandon
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Queue: <val ue>

Posi tion: <val ue>
Original Position: <val ue>
Hol dTi ne: <val ue>

Arguments

¢ Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Posi ti on - This channel's current position in the queue.

Ori gi nal Posi ti on - The channel's original position in the queue.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]
L]
°
L]

Class

AGENT
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Hol dTi ne - The time the channel was in the queue, expressed in seconds since 00:00, Jan 1, 1970 UTC.
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Asterisk 14 ManagerEvent_QueueCallerJoin
QueueCallerJoin

Synopsis
Raised when a caller joins a Queue.
Description

Syntax

Event: QueueCall erJoin
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Queue: <val ue>

Posi tion: <val ue>

Count : <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Posi ti on - This channel's current position in the queue.

Count - The total number of channels in the queue.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]
[ ]
[ ]

Class

AGENT

See Also

® Asterisk 14 ManagerEvent_QueueCallerLeave
® Asterisk 14 Application_Queue

Import Version

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_QueueCallerLeave
QueueCallerLeave

Synopsis
Raised when a caller leaves a Queue.
Description

Syntax

Event: QueueCal | er Leave
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Queue: <val ue>

Count : <val ue>

Position: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Queue - The name of the queue.

Count - The total number of channels in the queue.

Posi ti on - This channel's current position in the queue.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]
[ ]
[ ]

Class

AGENT

See Also

® Asterisk 14 ManagerEvent_QueueCallerJoin

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_QueueMemberAdded
QueueMemberAdded

Synopsis
Raised when a member is added to the queue.
Description

Syntax

Event: QueueMenber Added
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>
Statel nterface: <val ue>
Menber shi p: <val ue>
Penal ty: <val ue>

Cal | sTaken: <val ue>
Last Cal | : <val ue>

Last Pause: <val ue>
InCal | : <val ue>

Status: <val ue>

Paused: <val ue>
PausedReason: <val ue>
Ri ngi nuse: <val ue>

Arguments
® Queue - The name of the queue.
* Menber Nane - The name of the queue member.
®* | nterface - The queue member's channel technology or location.
® Stat el nterface - Channel technology or location from which to read device state changes.
* Menbership
® dynanic
® realtime
® static

Penal ty - The penalty associated with the queue member.
Cal | sTaken - The number of calls this queue member has serviced.
Last Cal | - The time this member last took a call, expressed in seconds since 00:00, Jan 1, 1970 UTC.
Last Pause - The time when started last paused the queue member.
InCal | -Setto 1 if memberisin call. Set to 0 after LastCall time is updated.
L]
.1
® St at us - The numeric device state status of the queue member.
® 0- AST_DEVICE_UNKNOWN
® 1-AST_DEVICE_NOT_INUSE
2 - AST_DEVICE_INUSE
3 - AST_DEVICE_BUSY
4 - AST_DEVICE_INVALID
5 - AST_DEVICE_UNAVAILABLE
6 - AST_DEVICE_RINGING
7 - AST_DEVICE_RINGINUSE
8 - AST_DEVICE_ONHOLD

Paused

°o0

°1
PausedReason - If set when paused, the reason the queue member was paused.
Ri ngi nuse

°0

°1

Class

AGENT

See Also
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® Asterisk 14 ManagerEvent_QueueMemberRemoved
® Asterisk 14 Application_AddQueueMember

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 397



Asterisk 14 ManagerEvent_QueueMemberPause
QueueMemberPause

Synopsis
Raised when a member is paused/unpaused in the queue.
Description

Syntax

Event: QueueMenber Pause
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>
Statel nterface: <val ue>
Menber shi p: <val ue>
Penal ty: <val ue>

Cal | sTaken: <val ue>
Last Cal | : <val ue>

Last Pause: <val ue>
InCal | : <val ue>

Status: <val ue>

Paused: <val ue>
PausedReason: <val ue>
Ri ngi nuse: <val ue>
Reason: <val ue>

Arguments
® Queue - The name of the queue.
® Menber Nane - The name of the queue member.
® | nterface - The queue member's channel technology or location.
® Statel nterface - Channel technology or location from which to read device state changes.
®* Menbership
® dynanmic
® realtime
® static

Penal t y - The penalty associated with the queue member.
Cal | sTaken - The number of calls this queue member has serviced.
Last Cal | - The time this member last took a call, expressed in seconds since 00:00, Jan 1, 1970 UTC.
Last Pause - The time when started last paused the queue member.
InCal | -Setto 1if member isin call. Set to 0 after LastCall time is updated.

L]

.1
® St at us - The numeric device state status of the queue member.
® 0 - AST_DEVICE_UNKNOWN
® 1-AST_DEVICE_NOT_INUSE
® 2 - AST_DEVICE_INUSE
® 3-AST_DEVICE_BUSY
® 4 - AST_DEVICE_INVALID
L]
°
L]
[ ]

5 - AST_DEVICE_UNAVAILABLE
6 - AST_DEVICE_RINGING
7 - AST_DEVICE_RINGINUSE
8 - AST_DEVICE_ONHOLD
* Paused
*0
°1
® PausedReason - If set when paused, the reason the queue member was paused.
® Ri ngi nuse
°0
°1
® Reason - The reason a member was paused.

Class

AGENT

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 398



See Also

® Asterisk 14 Application_PauseQueueMember
® Asterisk 14 Application_UnPauseQueueMember

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_QueueMemberPenalty
QueueMemberPenalty

Synopsis
Raised when a member's penalty is changed.
Description

Syntax

Event: QueueMenber Penal ty
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>
Statel nterface: <val ue>
Menber shi p: <val ue>
Penal ty: <val ue>

Cal | sTaken: <val ue>
Last Cal | : <val ue>

Last Pause: <val ue>
InCal | : <val ue>

Status: <val ue>

Paused: <val ue>
PausedReason: <val ue>
Ri ngi nuse: <val ue>

Arguments
® Queue - The name of the queue.
* Menber Nane - The name of the queue member.
®* | nterface - The queue member's channel technology or location.
® Stat el nterface - Channel technology or location from which to read device state changes.
* Menbership
® dynanic
® realtime
® static

Penal ty - The penalty associated with the queue member.
Cal | sTaken - The number of calls this queue member has serviced.
Last Cal | - The time this member last took a call, expressed in seconds since 00:00, Jan 1, 1970 UTC.
Last Pause - The time when started last paused the queue member.
InCal | -Setto 1 if memberisin call. Set to 0 after LastCall time is updated.
L]
.1
® St at us - The numeric device state status of the queue member.
® 0- AST_DEVICE_UNKNOWN
® 1-AST_DEVICE_NOT_INUSE
2 - AST_DEVICE_INUSE
3 - AST_DEVICE_BUSY
4 - AST_DEVICE_INVALID
5 - AST_DEVICE_UNAVAILABLE
6 - AST_DEVICE_RINGING
7 - AST_DEVICE_RINGINUSE
8 - AST_DEVICE_ONHOLD

Paused

°o0

°1
PausedReason - If set when paused, the reason the queue member was paused.
Ri ngi nuse

°0

°1

Class

AGENT

See Also
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® Asterisk 14 Function_ QUEUE_MEMBER

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_QueueMemberRemoved
QueueMemberRemoved

Synopsis
Raised when a member is removed from the queue.
Description

Syntax

Event: QueueMenber Renoved
Queue: <val ue>

Menber Name: <val ue>
Interface: <val ue>
Statel nterface: <val ue>
Menber shi p: <val ue>
Penal ty: <val ue>

Cal | sTaken: <val ue>
Last Cal | : <val ue>

Last Pause: <val ue>
InCal | : <val ue>

Status: <val ue>

Paused: <val ue>
PausedReason: <val ue>
Ri ngi nuse: <val ue>

Arguments
® Queue - The name of the queue.
* Menber Nane - The name of the queue member.
®* | nterface - The queue member's channel technology or location.
® Stat el nterface - Channel technology or location from which to read device state changes.
* Menbership
® dynanic
® realtime
® static

Penal ty - The penalty associated with the queue member.
Cal | sTaken - The number of calls this queue member has serviced.
Last Cal | - The time this member last took a call, expressed in seconds since 00:00, Jan 1, 1970 UTC.
Last Pause - The time when started last paused the queue member.
InCal | -Setto 1 if memberisin call. Set to 0 after LastCall time is updated.
L]
.1
® St at us - The numeric device state status of the queue member.
® 0- AST_DEVICE_UNKNOWN
® 1-AST_DEVICE_NOT_INUSE
2 - AST_DEVICE_INUSE
3 - AST_DEVICE_BUSY
4 - AST_DEVICE_INVALID
5 - AST_DEVICE_UNAVAILABLE
6 - AST_DEVICE_RINGING
7 - AST_DEVICE_RINGINUSE
8 - AST_DEVICE_ONHOLD

Paused

°o0

°1
PausedReason - If set when paused, the reason the queue member was paused.
Ri ngi nuse

°0

°1

Class

AGENT

See Also
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® Asterisk 14 ManagerEvent_QueueMemberAdded
® Asterisk 14 Application_RemoveQueueMember

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 403



Asterisk 14 ManagerEvent_QueueMemberRinginuse

QueueMemberRinginuse

Synopsis

Raised when a member's ringinuse setting is changed.

Description

Syntax

Queue: <val
Menber Namre
Interface
Statelnterf
Menber shi p
Penal ty: <v
Cal | sTaken:
LastCall: <
Last Pause:

Event: QueueMenber Ri ngi nuse

ue>

<val ue>
<val ue>

ace: <val ue>
<val ue>

al ue>

<val ue>

val ue>

<val ue>

InCall:
St at us:
Paused:

<val ue>
<val ue>
<val ue>

PausedReason: <val ue>

Ri ngi nuse:

<val ue>

Arguments

Queue - The name of the queue.
Menber Nane - The name of the queue member.
I nt er f ace - The queue member's channel technology or location.
St at el nt er f ace - Channel technology or location from which to read device state changes.
Menber shi p
® dynanic
® realtime
® static
Penal ty - The penalty associated with the queue member.
Cal | sTaken - The number of calls this queue member has serviced.

Last Pause - The time when started last paused the queue member.
InCal | -Setto 1 if memberisin call. Set to 0 after LastCall time is updated.
L]
.1
® St at us - The numeric device state status of the queue member.
® 0- AST_DEVICE_UNKNOWN
® 1-AST_DEVICE_NOT_INUSE
2 - AST_DEVICE_INUSE
3 - AST_DEVICE_BUSY
4 - AST_DEVICE_INVALID
5 - AST_DEVICE_UNAVAILABLE
6 - AST_DEVICE_RINGING
7 - AST_DEVICE_RINGINUSE
8 - AST_DEVICE_ONHOLD

Paused

°o0

°1
PausedReason - If set when paused, the reason the queue member was paused.
Ri ngi nuse

°0

°1

Class

AGENT

See Also

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Import Version
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Asterisk 14 ManagerEvent_QueueMemberStatus

QueueMemberStatus

Synopsis

Raised when a Queue member's status has changed.

Description

Syntax

Queue: <val
Menber Namre
Interface
Statelnterf
Menber shi p
Penal ty: <v
Cal | sTaken:
LastCall: <
Last Pause:

Event: QueueMenber St at us

ue>

<val ue>
<val ue>

ace: <val ue>
<val ue>

al ue>

<val ue>

val ue>

<val ue>

InCall:
St at us:
Paused:

<val ue>
<val ue>
<val ue>

PausedReason: <val ue>

Ri ngi nuse:

<val ue>

Arguments

Queue - The name of the queue.
Menber Nane - The name of the queue member.
I nt er f ace - The queue member's channel technology or location.
St at el nt er f ace - Channel technology or location from which to read device state changes.
Menber shi p
® dynanic
® realtime
® static
Penal ty - The penalty associated with the queue member.
Cal | sTaken - The number of calls this queue member has serviced.

Last Pause - The time when started last paused the queue member.
InCal | -Setto 1 if memberisin call. Set to 0 after LastCall time is updated.
L]
.1
® St at us - The numeric device state status of the queue member.
® 0- AST_DEVICE_UNKNOWN
® 1-AST_DEVICE_NOT_INUSE
2 - AST_DEVICE_INUSE
3 - AST_DEVICE_BUSY
4 - AST_DEVICE_INVALID
5 - AST_DEVICE_UNAVAILABLE
6 - AST_DEVICE_RINGING
7 - AST_DEVICE_RINGINUSE
8 - AST_DEVICE_ONHOLD

Paused

°o0

°1
PausedReason - If set when paused, the reason the queue member was paused.
Ri ngi nuse

°0

°1

Class

AGENT

See Also

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_ReceiveFAX

ReceiveFAX

Synopsis

Raised when a receive fax operation has completed.
Description

Syntax

Event: Recei veFAX

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Local Stationl D: <val ue>
Renot eStationl D <val ue>
PagesTransferred: <val ue>
Resol ution: <val ue>
TransferRate: <val ue>

Fi | eNane: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Local St ati onl D- The value of the LOCALSTATI ONI D channel variable
Renot eSt at i onl D- The value of the REMOTESTATI ONI D channel variable
PagesTr ansf err ed - The number of pages that have been transferred
Resol ut i on - The negotiated resolution

Tr ansf er Rat e - The negotiated transfer rate

Fi | eNan®e - The files being affected by the fax operation

Class

CALL

See Also

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_Registry
Registry

Synopsis
Raised when an outbound registration completes.
Description

Syntax

Event: Registry
Channel Type: <val ue>
User name: <val ue>
Donmi n: <val ue>
Status: <val ue>
Cause: <val ue>

Arguments

Channel Type - The type of channel that was registered (or not).
User nane - The username portion of the registration.
Donmi n - The address portion of the registration.
St at us - The status of the registration request.
® Registered
® Unregistered
® Rejected
® Failed
® Cause - What caused the rejection of the request, if available.

Class

SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_Reload
Reload

Synopsis
Raised when a module has been reloaded in Asterisk.
Description

Syntax

Event: Rel oad
Mbdul e: <val ue>
Status: <val ue>

Arguments

® Mbdul e - The name of the module that was reloaded, or Al | if all modules were reloaded
® St at us - The numeric status code denoting the success or failure of the reload request.
® 0 - Success
1 - Request queued
2 - Module not found
3 - Error
4 - Reload already in progress
5 - Module uninitialized
6 - Reload not supported

Class

SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_Rename

Rename

Synopsis

Raised when the name of a channel is changed.
Description

Syntax

Event: Renane
Channel : <val ue>
Newnane: <val ue>
Uni quei d: <val ue>

Arguments

¢ Channel
®* Newnane
® Uniqueid

Class
CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_RequestBadFormat
RequestBadFormat

Synopsis
Raised when a request is received with bad formatting.
Description

Syntax

Event: Request BadFor mat
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
Request Type: <val ue>

[ Modul e:] <val ue>

[ SessionTV:] <val ue>
[Account 1 D:] <val ue>

[ Request Params:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - A relative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Request Type - The type of request attempted.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Account | D- The account ID associated with the rejected request.
Request Par anms - Parameters provided to the rejected request.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Renot eAddr ess - The remote address of the entity that caused the security event to be raised.
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Asterisk 14 ManagerEvent_RequestNotAllowed
RequestNotAllowed

Synopsis
Raised when a request is not allowed by the service.
Description

Syntax

Event: Request Not Al | owed
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>

Local Address: <val ue>
Renot eAddr ess: <val ue>
Request Type: <val ue>

[ Modul e:] <val ue>

[ SessionTV:] <val ue>

[ Request Params:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Request Type - The type of request attempted.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Request Par anms - Parameters provided to the rejected request.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Renot eAddr ess - The remote address of the entity that caused the security event to be raised.
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Asterisk 14 ManagerEvent_RequestNotSupported
RequestNotSupported

Synopsis
Raised when a request fails due to some aspect of the requested item not being supported by the service.
Description

Syntax

Event: Request Not Supported
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
Request Type: <val ue>

[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Request Type - The type of request attempted.
Mbdul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.

Renot eAddr ess - The remote address of the entity that caused the security event to be raised.
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Asterisk 14 ManagerEvent_ RTCPReceived
RTCPReceived

Synopsis
Raised when an RTCP packet is received.
Description

Syntax

Event: RTCPRecei ved

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

SSRC: <val ue>

PT: <val ue>

From <val ue>

RTT: <val ue>

Report Count: <val ue>

[ Sent NTP: ] <val ue>

[ Sent RTP:] <val ue>

[ Sent Packets:] <val ue>
[SentCctets:] <val ue>

Repor t XSour ceSSRC: <val ue>
Repor t XFracti onLost: <val ue>
Repor t XCumul ati veLost: <val ue>
Repor t XHi ghest Sequence: <val ue>
Repor t XSequenceNunber Cycl es: <val ue>
Report XI AJitter: <val ue>
Report XLSR:  <val ue>

Report XDLSR:  <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* W
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call er!l DNum
® Cal | er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® SSRC- The SSRC identifier for the remote system
® PT - The type of packet for this RTCP report.
* 200(SR)
* 201(RR)

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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® From- The address the report was received from.

® RTT - Calculated Round-Trip Time in seconds

® Report Count - The number of reports that were received.

The report count determines the number of ReportX headers in the message. The X for each set of report headers will range from 0 to Re

port Count - 1.

Sent NTP - The time the sender generated the report. Only valid when PT is 200( SR) .

Sent RTP - The sender's last RTP timestamp. Only valid when PT is 200( SR) .

Sent Packet s - The number of packets the sender has sent. Only valid when PT is 200( SR) .

Sent Cct et s - The number of bytes the sender has sent. Only valid when PT is 200( SR) .

Repor t XSour ceSSRC - The SSRC for the source of this report block.

Report XFract i onLost - The fraction of RTP data packets from Repor t XSour ceSSRC lost since the previous SR or RR report was

sent.

Report XCumnul at i veLost - The total number of RTP data packets from Repor t XSour ceSSRC lost since the beginning of reception.

® Report XH ghest Sequence - The highest sequence number received in an RTP data packet from Repor t XSour ceSSRC.

® Report XSequenceNunber Cycl es - The number of sequence number cycles seen for the RTP data received from Repor t XSour ceSS
RC.

® Report Xl AJitter - An estimate of the statistical variance of the RTP data packet interarrival time, measured in timestamp units.

® Report XLSR- The last SR timestamp received from Repor t XSour ceSSRC. If no SR has been received from Repor t XSour ce SSRC,
then 0.

® Report XDLSR - The delay, expressed in units of 1/65536 seconds, between receiving the last SR packet from Repor t XSour ceSSRC an
d sending this report.

Class

REPORTING
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_ RTCPSent
RTCPSent

Synopsis
Raised when an RTCP packet is sent.
Description

Syntax

Event: RTCPSent

Channel : <val ue>

Channel State: <val ue>

Channel St at eDesc: <val ue>

Cal | erl DNum <val ue>

Cal | er| DName: <val ue>

Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

SSRC: <val ue>

PT: <val ue>

To: <val ue>

Report Count : <val ue>

[ Sent NTP:] <val ue>

[ Sent RTP:] <val ue>

[ Sent Packets:] <val ue>

[Sent Cctets:] <val ue>

Repor t XSour ceSSRC:  <val ue>
Report XFracti onLost: <val ue>
Repor t XCunul ati veLost: <val ue>
Repor t XHi ghest Sequence: <val ue>
Repor t XSequenceNunber Cycl es: <val ue>
Report XI AJitter: <val ue>
Report XLSR:  <val ue>

Repor t XDLSR:  <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call erl DNum
® Cal |l er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® SSRC- The SSRC identifier for our stream
® PT - The type of packet for this RTCP report.
® 200( SR
* 201(RR)

® To - The address the report is sent to.

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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® Report Count - The number of reports that were sent.

The report count determines the number of ReportX headers in the message. The X for each set of report headers will range from 0 to Re

port Count - 1.

Sent NTP - The time the sender generated the report. Only valid when PT is 200( SR) .

Sent RTP - The sender's last RTP timestamp. Only valid when PT is 200( SR) .

Sent Packet s - The number of packets the sender has sent. Only valid when PT is 200( SR) .

Sent Cct et s - The number of bytes the sender has sent. Only valid when PT is 200( SR) .

Repor t XSour ceSSRC - The SSRC for the source of this report block.

Report XFracti onLost - The fraction of RTP data packets from Repor t XSour ceSSRC lost since the previous SR or RR report was

sent.

Repor t XCunul ati veLost - The total number of RTP data packets from Repor t XSour ce SSRC lost since the beginning of reception.

® Report XHi ghest Sequence - The highest sequence number received in an RTP data packet from Repor t XSour ce SSRC.

® Report XSequenceNunber Cycl es - The number of sequence number cycles seen for the RTP data received from Report XSour ceSS
RC.

® Report XI AJitter - An estimate of the statistical variance of the RTP data packet interarrival time, measured in timestamp units.

® Report XLSR- The last SR timestamp received from Repor t XSour ceSSRC. If no SR has been received from Repor t XSour ceSSRC,
then 0.

® Report XDLSR- The delay, expressed in units of 1/65536 seconds, between receiving the last SR packet from Repor t XSour ceSSRC an
d sending this report.

Class

REPORTING
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_SendFAX
SendFAX

Synopsis
Raised when a send fax operation has completed.
Description

Syntax

Event: SendFAX

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Local Stationl D: <val ue>
Renot eStationl D <val ue>
PagesTransferred: <val ue>
Resol ution: <val ue>
TransferRate: <val ue>

Fi | eNane: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
Cal | er | DNum
Cal | er | DNare
Connect edLi neNum
Connect edLi neNare
Account Code
Cont ext
Ext en
Priority
Uni quei d

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Local St ati onl D- The value of the LOCALSTATI ONI D channel variable
Renot eSt at i onl D- The value of the REMOTESTATI ONI D channel variable
PagesTr ansf err ed - The number of pages that have been transferred
Resol ut i on - The negotiated resolution

Tr ansf er Rat e - The negotiated transfer rate

Fi | eNan®e - The files being affected by the fax operation

Class

CALL

See Also

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 421



Asterisk 14 ManagerEvent_SessionLimit
SessionLimit

Synopsis
Raised when a request fails due to exceeding the number of allowed concurrent sessions for that service.
Description

Syntax

Event: SessionLimt
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>
Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Modul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License.
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Asterisk 14 ManagerEvent_SessionTimeout
SessionTimeout

Synopsis
Raised when a SIP session times out.
Description

Syntax

Event: SessionTi neout
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Source: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Sour ce - The source of the session timeout.

® RTPTi nmeout

® Sl PSessi onTi ner

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_Shutdown
Shutdown

Synopsis
Raised when Asterisk is shutdown or restarted.
Description

Syntax

Event: Shutdown
Shut down: <val ue>
Restart: <val ue>

Arguments

® Shut down - Whether the shutdown is proceeding cleanly (all channels were hungup successfully) or uncleanly (channels will be
terminated)
® Uncl eanly

® Jdeanly
® Rest art - Whether or not a restart will occur.
® True
® Fal se
Class
SYSTEM
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_SIPQualifyPeerDone
SIPQualifyPeerDone

Synopsis
Raised when SIPQualifyPeer has finished qualifying the specified peer.
Description

Syntax

Event: Sl PQualifyPeer Done
Peer: <val ue>
Actionl D: <val ue>

Arguments

® Peer - The name of the peer.
® Actionl D- This is only included if an ActionID Header was sent with the action request, in which case it will be that ActionID.

Class

CALL

See Also

® Asterisk 14 ManagerAction_SIPqualifypeer

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_SoftHangupRequest
SoftHangupRequest

Synopsis
Raised when a soft hangup is requested with a specific cause code.
Description

Syntax

Event: Sof t HangupRequest
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Cause: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Cause - A numeric cause code for why the channel was hung up.

® Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
L ]

Class

CALL
See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_SpanAlarm
SpanAlarm

Synopsis
Raised when an alarm is set on a DAHDI span.
Description

Syntax

Event: SpanAl arm
Span: <val ue>
Alarm <val ue>

Arguments

® Span - The span on which the alarm occurred.
® Al ar m- A textual description of the alarm that occurred.

Class

SYSTEM

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_SpanAlarmClear
SpanAlarmClear

Synopsis
Raised when an alarm is cleared on a DAHDI span.
Description

Syntax

Event: SpanAl ar nCl ear
Span: <val ue>

Arguments

® Span - The span on which the alarm was cleared.

Class

SYSTEM

See Also

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164
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Asterisk 14 ManagerEvent_Status
Status

Synopsis
Raised in response to a Status command.
Description

Syntax

Event: Status

[Actionl D] <val ue>
Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DNanme: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>

Cont ext: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Type: <val ue>

DNI D: <val ue>

Ti meToHangup: <val ue>
Bridgel D: <val ue>

Li nkedi d: <val ue>

Appl i cation: <val ue>

Dat a: <val ue>
Nativeformats: <val ue>
Readf ormat: <val ue>
Readtrans: <val ue>
Witeformat: <val ue>
Witetrans: <val ue>

Cal | group: <val ue>

Pi ckupgroup: <val ue>
Seconds: <val ue>

Arguments

ActionlD
Channel
Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di ali ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Cal | er | DNum
Cal | er | DName
Connect edLi neNum
Connect edLi neNanme
Account Code
Cont ext
Ext en
Priority
Uni quei d
Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Type - Type of channel
DNI D - Dialed number identifier
Ti meToHangup - Absolute lifetime of the channel
Bri dgel D- Identifier of the bridge the channel is in, may be empty if not in one
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Li nkedi d

Appl i cati on - Application currently executing on the channel

Dat a - Data given to the currently executing channel

Nat i vef or mat s - Media formats the connected party is willing to send or receive
Readf or mat - Media formats that frames from the channel are received in
Readt r ans - Translation path for media received in native formats

Wi tef ormat - Media formats that frames to the channel are accepted in
W i t etrans - Translation path for media sent to the connected party

Cal | gr oup - Configured call group on the channel

Pi ckupgr oup - Configured pickup group on the channel

Seconds - Number of seconds the channel has been active

Class

CALL

See Also

® Asterisk 14 ManagerAction_Status

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67
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Asterisk 14 ManagerEvent_StatusComplete
StatusComplete

Synopsis
Raised in response to a Status command.
Description

Syntax

Event: StatusConplete
Items: <val ue>

Arguments

® |t ens - Number of Status events returned

Class

CALL

See Also

® Asterisk 14 ManagerAction_Status

Import Version

This documentation was imported from Asterisk Version GIT-14-46b4e67

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 431



Asterisk 14 ManagerEvent_SuccessfulAuth

SuccessfulAuth

Synopsis

Raised

when a request successfully authenticates with a service.

Description

Syntax

Event: Successful Auth
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>
Local Address: <val ue>
Renot eAddr ess: <val ue>
Usi ngPasswor d: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

Event TV - The time the event was detected.
Severity - Arelative severity of the security event.
® Informational
® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.

Renot eAddr ess - The remote address of the entity that caused the security event to be raised.

Usi ngPasswor d - Whether or not the authentication attempt included a password.
Mbdul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY

See Also

Import Version
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Asterisk 14 ManagerEvent_TransportDetail
TransportDetail

Synopsis
Provide details about an authentication section.
Description

Syntax

Event: Transport Det ai

bj ect Type: <val ue>

Obj ect Nanme: <val ue>

Protocol : <val ue>

Bi nd: <val ue>

AsycOper ations: <val ue>

Cali stFile: <value>

Cali st Pat h: <val ue>

CertFile: <val ue>

PrivKeyFil e: <val ue>

Password: <val ue>

Ext er nal Si gnal i ngAddr ess: <val ue>
Ext ernal Si gnal i ngPort: <val ue>
Ext er nal Medi aAddr ess: <val ue>
Domai n: <val ue>

VerifyServer: <val ue>
VerifyCdient: <value>
RequireCientCert: <val ue>

Met hod: <val ue>

Ci pher: <val ue>

Local Net: <val ue>

Tos: <val ue>

Cos: <val ue>

Websocket Wi t eTi neout: <val ue>
Endpoi nt Nanme: <val ue>

Arguments

Obj ect Type - The object's type. This will always be ‘transport'.

Obj ect Nane - The name of this object.

Pr ot ocol - Protocol to use for SIP traffic

Bi nd - IP Address and optional port to bind to for this transport

AsycQper at i ons - Number of simultaneous Asynchronous Operations
Cali st Fi | e - File containing a list of certificates to read (TLS ONLY)

Cali st Pat h - Path to directory containing a list of certificates to read (TLS ONLY)
Cert Fi | e - Certificate file for endpoint (TLS ONLY)

Pri vKeyFi | e - Private key file (TLS ONLY)

Passwor d - Password required for transport

Ext er nal Si gnal i ngAddr ess - External address for SIP signalling

Ext er nal Si gnal i ngPort - External port for SIP signalling

Ext er nal Medi aAddr ess - External IP address to use in RTP handling
Domai n - Domain the transport comes from

Veri fyServer - Require verification of server certificate (TLS ONLY)

Veri fyd i ent - Require verification of client certificate (TLS ONLY)

Requi red i ent Cert - Require client certificate (TLS ONLY)

Met hod - Method of SSL transport (TLS ONLY)

Ci pher - Preferred cryptography cipher names (TLS ONLY)

Local Net - Network to consider local (used for NAT purposes).

Tos - Enable TOS for the signalling sent over this transport

Cos - Enable COS for the signalling sent over this transport

Websocket Wit eTi meout - The timeout (in milliseconds) to set on WebSocket connections.
Endpoi nt Nane - The name of the endpoint associated with this information.

Class

COMMAND

See Also
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Asterisk 14 ManagerEvent_UnexpectedAddress
UnexpectedAddress

Synopsis
Raised when a request has a different source address then what is expected for a session already in progress with a service.
Description

Syntax

Event: Unexpect edAddress
Event TV: <val ue>
Severity: <val ue>
Service: <val ue>

Event Versi on: <val ue>
Account I D: <val ue>
Sessionl D: <val ue>

Local Address: <val ue>
Renot eAddr ess: <val ue>
Expect edAddr ess: <val ue>
[ Modul e:] <val ue>

[ SessionTV:] <val ue>

Arguments

® Event TV - The time the event was detected.
® Severity - Arelative severity of the security event.

® Informational

® Error
Ser vi ce - The Asterisk service that raised the security event.
Event Ver si on - The version of this event.
Account | D- The Service account associated with the security event notification.
Sessi onl D - A unique identifier for the session in the service that raised the event.
Local Addr ess - The address of the Asterisk service that raised the security event.
Renot eAddr ess - The remote address of the entity that caused the security event to be raised.
Expect edAddr ess - The address that the request was expected to use.
Mbdul e - If available, the name of the module that raised the event.
Sessi onTV - The timestamp reported by the session.

Class

SECURITY
See Also

Import Version
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Asterisk 14 ManagerEvent_Unhold
Unhold

Synopsis
Raised when a channel goes off hold.
Description

Syntax

Event: Unhol d

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°

Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_UnParkedCall
UnParkedCall

Synopsis
Raised when a channel leaves a parking lot because it was retrieved from the parking lot and reconnected.
Description

Syntax

Event: UnParkedCal |

Par keeChannel : <val ue>

Par keeChannel State: <val ue>

Par keeChannel St at eDesc: <val ue>
Par keeCal | er | DNum <val ue>

Par keeCal | er | DNane: <val ue>

Par keeConnect edLi neNum <val ue>
Par keeConnect edLi neNane: <val ue>
Par keeAccount Code: <val ue>

Par keeCont ext: <val ue>

Par keeExt en: <val ue>

Par keePriority: <value>

Par keeUni quei d: <val ue>

Par keeLi nkedi d: <val ue>

Par ker Channel : <val ue>

Par ker Channel State: <val ue>

Par ker Channel St at eDesc: <val ue>
Par ker Cal | er | DNum <val ue>

Par ker Cal | er | DNane: <val ue>

Par ker Connect edLi neNum <val ue>
Par ker Connect edLi neName: <val ue>
Par ker Account Code: <val ue>

Par ker Cont ext : <val ue>

Par ker Ext en: <val ue>
ParkerPriority: <value>

Par ker Uni quei d: <val ue>

Par ker Li nkedi d: <val ue>

Par ker Di al String: <val ue>

Par ki ngl ot : <val ue>

Par ki ngSpace: <val ue>

Par ki ngTi meout : <val ue>

Par ki ngDur ati on: <val ue>
Retriever Channel : <val ue>

Retri ever Channel State: <val ue>
Retri ever Channel St at eDesc: <val ue>
RetrieverCal |l erl DNum <val ue>
RetrieverCal | er| DName: <val ue>
Retri ever Connect edLi neNum <val ue>
Retri ever Connect edLi neNane: <val ue>
Retri ever Account Code: <val ue>
Retriever Context: <val ue>
Retriever Exten: <val ue>
RetrieverPriority: <value>
Retriever Uni quei d: <val ue>
RetrieverLinkedid: <val ue>

Arguments

® Par keeChannel

® Par keeChannel St at e - A numeric code for the channel's current state, related to ParkeeChannelStateDesc

® Par keeChannel St at eDesc
¢ Down

Rsrvd

O f Hook

Di al i ng

Ri ng

Ri ngi ng

Up

Busy

Di al i ng O f hook

Pre-ring

Unknown

® ParkeeCal | er| DNum

® Par keeCal | er | DNanme

® Par keeConnect edLi neNum
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Par keeConnect edLi neNane
Par keeAccount Code
Par keeCont ext
Par keeExt en
Par keePriority
Par keeUni quei d
Par keeLi nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Channel
Par ker Channel St at e - A numeric code for the channel's current state, related to ParkerChannelStateDesc
Par ker Channel St at eDesc
¢ Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di al i ng O f hook
Pre-ring
Unknown
Par ker Cal | er | DNum
Par ker Cal | er | DNane
Par ker Connect edLi neNum
Par ker Connect edLi neNane
Par ker Account Code
Par ker Cont ext
Par ker Ext en
ParkerPriority
Par ker Uni quei d
Par ker Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Par ker Di al Stri ng - Dial String that can be used to call back the parker on ParkingTimeout.
Par ki ngl ot - Name of the parking lot that the parkee is parked in
Par ki ngSpace - Parking Space that the parkee is parked in
Par ki ngTi neout - Time remaining until the parkee is forcefully removed from parking in seconds
Par ki ngDur at i on - Time the parkee has been in the parking bridge (in seconds)
Retri ever Channel
Ret ri ever Channel St at e - A numeric code for the channel's current state, related to RetrieverChannelStateDesc
Ret ri ever Channel St at eDesc
Down
Rsrvd
O f Hook
Di al i ng
Ri ng
Ri ngi ng
Up
Busy
Di ali ng O f hook
Pre-ring
Unknown
Retri ever Cal | er| DNum
Retri ever Cal | er | DNane
Ret ri ever Connect edLi neNum
Ret ri ever Connect edLi neNane
Ret ri ever Account Code
Ret ri ever Cont ext
Ret ri ever Ext en
RetrieverPriority
Ret ri ever Uni quei d
Ret ri ever Li nkedi d - Uniqueid of the oldest channel associated with this channel.

Class

CALL
See Also

Import Version
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Asterisk 14 ManagerEvent_UserEvent
UserEvent

Synopsis

A user defined event raised from the dialplan.

Description

Event may contain additional arbitrary parameters in addition to optional bridge and endpoint snapshots. Multiple snapshots of the same type are prefixed
with a numeric value.

Syntax

Event: User Event

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal l erl DNum <val ue>

Cal | er | DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <value>

Uni quei d: <val ue>

Li nkedi d: <val ue>

User Event: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
User Event - The event name, as specified in the dialplan.

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call erl DNum
® Cal |l er| DNane
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
[ ]
[ ]

Class

USER

See Also

® Asterisk 14 Application_UserEvent

Import Version
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Asterisk 14 ManagerEvent_VarSet

VarSet

Synopsis

Raised when a variable local to the gosub stack frame is set due to a subroutine call.
Description

Syntax

Event: Var Set

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erl DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Vari abl e: <val ue>

Val ue: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Var i abl e - The LOCAL variable being set.

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* Up
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Cal |l erl DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
°
L]

Note
The variable name will always be enclosed with LOCAL( )

® Val ue - The new value of the variable.

Class

DIALPLAN

See Also

® Asterisk 14 Application_GoSub
® Asterisk 14 AGICommand_gosub
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® Asterisk 14 Function_LOCAL
® Asterisk 14 Function_LOCAL_PEEK

Synopsis
Raised when a variable is shared between channels.
Description

Syntax

Event: Var Set

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal |l erl DNum <val ue>

Cal | er| DNarme: <val ue>
Connect edLi neNum  <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Vari abl e: <val ue>

Val ue: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

Li nkedi d - Uniqueid of the oldest channel associated with this channel.
Vari abl e - The SHARED variable being set.

¢ Down
® Rsrvd
® O f Hook
® Dialing
® Ring
® Ringing
* U
® Busy
® Dialing Ofhook
® Pre-ring
¢ Unknown
® Call er| DNum
® Call er| DNane
® Connect edLi neNum
® Connect edLi neNane
® Account Code
® Cont ext
® Exten
® Priority
® Uniqueid
L ]
[ ]

Note
The variable name will always be enclosed with SHARED )

® Val ue - The new value of the variable.

Class

DIALPLAN

See Also

® Asterisk 14 Function_SHARED

Synopsis

Raised when a variable is set to a particular value.
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Description

Syntax

Event: Var Set

Channel : <val ue>

Channel State: <val ue>
Channel St at eDesc: <val ue>
Cal | erI DNum <val ue>

Cal | er| DName: <val ue>
Connect edLi neNum <val ue>
Connect edLi neNane: <val ue>
Account Code: <val ue>
Context: <val ue>

Exten: <val ue>

Priority: <val ue>

Uni quei d: <val ue>

Li nkedi d: <val ue>

Vari abl e: <val ue>

Val ue: <val ue>

Arguments

® Channel
® Channel St at e - A numeric code for the channel's current state, related to ChannelStateDesc
® Channel St at eDesc

¢ Down
® Rsrvd
¢ O f Hook
® Dialing
®* Ring
® Ringing
* W
® Busy
® Dialing Ofhook
® Pre-ring
® Unknown
® Call erl DNum
® Cal |l er| DNanme
® Connect edLi neNum
® Connect edLi neNanme
® Account Code
® Cont ext
® Exten
® Priority
® Uni queid
® Li nkedi d - Uniqueid of the oldest channel associated with this channel.
® Vari abl e - The variable being set.
® Val ue - The new value of the variable.
Class
DIALPLAN
See Also
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Asterisk 14 ARI
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Asterisk 14 Dialplan Applications
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Asterisk 14 Application_AddQueueMember

AddQueueMember()

Synopsis

Dynamically adds queue members.

Description

Dynamically adds interface to an existing queue. If the interface is already in the queue it will return an error.

This application sets the following channel variable upon completion:

®* AQWSTATUS - The status of the attempt to add a queue member as a text string.
* ADDED
* MEMBERALREADY
* NOSUCHQUEUE

Syntax

AddQueueMenber (queuenane, [i nterface, [ penal ty, [options, [ nenber nane, [stateinterface]]]]])

Arguments

gueuenane
interface

penal ty
options

menber nanme
statei nterface

See Also

Asterisk 14 Application_Queue

Asterisk 14 Application_QueuelLog

Asterisk 14 Application_AddQueueMember
Asterisk 14 Application_RemoveQueueMember
Asterisk 14 Application_PauseQueueMember
Asterisk 14 Application_UnpauseQueueMember
Asterisk 14 Function_QUEUE_VARIABLES
Asterisk 14 Function_QUEUE_MEMBER

Asterisk 14 Function_QUEUE_MEMBER_COUNT
Asterisk 14 Function_ QUEUE_EXISTS

Asterisk 14 Function_ QUEUE_GET_CHANNEL
Asterisk 14 Function_QUEUE_WAITING_COUNT
Asterisk 14 Function_ QUEUE_MEMBER_LIST
Asterisk 14 Function_QUEUE_MEMBER_PENALTY

Import Version
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Asterisk 14 Application_ADSIProg
ADSIProg()

Synopsis

Load Asterisk ADSI Scripts into phone

Description

This application programs an ADSI Phone with the given script

Syntax

ADSI Prog([script])

Arguments

® script - adsi script to use. If not given uses the default script ast eri sk. adsi

See Also

® Asterisk 14 Application_GetCPEID
® adsi. conf

Import Version
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Asterisk 14 Application_AELSub
AELSub()

Synopsis

Launch subroutine built with AEL

Description
Execute the named subroutine, defined in AEL, from another dialplan language, such as extensions.conf, Realtime extensions, or Lua.

The purpose of this application is to provide a sane entry point into AEL subroutines, the implementation of which may change from time to time.

Syntax

AELSub(routine, [args])

Arguments

® routine - Named subroutine to execute.
® args

See Also

Import Version
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Asterisk 14 Application_AgentLogin
AgentLogin()

Synopsis

Login an agent.

Description

Login an agent to the system. Any agent authentication is assumed to already be done by dialplan. While logged in, the agent can receive calls and will
hear the sound file specified by the config option custom_beep when a new call comes in for the agent. Login failures will continue in the dialplan with AGEN

T_STATUS set.

Before logging in, you can setup on the real agent channel the CHANNEL(dtmf-features) an agent will have when talking to a caller and you can setup on
the channel running this application the CONNECTEDLINE() information the agent will see while waiting for a caller.

AGENT_STATUS enumeration values:
® | NVALI D- The specified agent is invalid.
® ALREADY_LOGGED | N- The agent is already logged in.

Note
The Agents:Agentld device state is available to monitor the status of the agent.

Syntax

‘ Agent Logi n( Agent | d, [ opti ons])

Arguments

® Agentld
® options
® s -silent login - do not announce the login ok segment after agent logged on.

See Also

Asterisk 14 Application_Authenticate

Asterisk 14 Application_Queue

Asterisk 14 Application_AddQueueMember
Asterisk 14 Application_RemoveQueueMember
Asterisk 14 Application_PauseQueueMember
Asterisk 14 Application_UnpauseQueueMember
Asterisk 14 Function_ AGENT

Asterisk 14 Function_ CHANNEL (dtmf-features)
Asterisk 14 Function_ CONNECTEDLINE()
agent s. conf

queues. conf

Import Version
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Asterisk 14 Application_AgentRequest
AgentRequest()

Synopsis

Request an agent to connect with the channel.

Description

Request an agent to connect with the channel. Failure to find, alert the agent, or acknowledge the call will continue in the dialplan with AGENT_STATUS set.

AGENT_STATUS enumeration values:

I NVALI D - The specified agent is invalid.
NOT_LOGGED _| N- The agent is not available.

°

L]

® BUSY - The agent is on another call.

® NOT_CONNECTED - The agent did not connect with the call. The agent most likely did not acknowledge the call.
L]

ERROR - Alerting the agent failed.

Syntax

Agent Request ( Agent | d)

Arguments

® Agentld

See Also

® Asterisk 14 Application_AgentLogin

Import Version
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Asterisk 14 Application_AGI
AGI()

Synopsis

Executes an AGI compliant application.

Description

Executes an Asterisk Gateway Interface compliant program on a channel. AGI allows Asterisk to launch external programs written in any language to
control a telephony channel, play audio, read DTMF digits, etc. by communicating with the AGI protocol on stdin and stdout. As of 1. 6. 0, this channel will
not stop dialplan execution on hangup inside of this application. Dialplan execution will continue normally, even upon hangup until the AGI application
signals a desire to stop (either by exiting or, in the case of a net script, by closing the connection). A locally executed AGI script will receive SIGHUP on
hangup from the channel except when using DeadAGlI. A fast AGI server will correspondingly receive a HANGUP inline with the command dialog. Both of
theses signals may be disabled by setting the AG SI GHUP channel variable to no before executing the AGI application. Alternatively, if you would like the
AGI application to exit immediately after a channel hangup is detected, set the AG EXI TONHANGUP variable to yes.

Use the CLI command agi show commands to list available agi commands.
This application sets the following channel variable upon completion:

® AQ STATUS - The status of the attempt to the run the AGI script text string, one of:

® SUCCESS
* FAILURE
* NOTFOUND
* HANGUP
Syntax
AG (command, argl, [arg2[,...]])
Arguments
® command
® args
® argl
® arg2
See Also

® Asterisk 14 Application_EAGI
® Asterisk 14 Application_DeadAGl

Import Version
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Asterisk 14 Application_AlarmReceiver
AlarmReceiver()

Synopsis

Provide support for receiving alarm reports from a burglar or fire alarm panel.

Description

This application should be called whenever there is an alarm panel calling in to dump its events. The application will handshake with the alarm panel, and
receive events, validate them, handshake them, and store them until the panel hangs up. Once the panel hangs up, the application will run the system
command specified by the eventcmd setting in al ar nt ecei ver . conf and pipe the events to the standard input of the application. The configuration file
also contains settings for DTMF timing, and for the loudness of the acknowledgement tones.

Note
Few Ademco DTMF signalling formats are detected automaticaly: Contact ID, Express 4+1, Express 4+2, High Speed and Super Fast.

The application is affected by the following variables:

® ALARMRECEI VER_CALL_LI M T - Maximum call time, in milliseconds.
If set, this variable causes application to exit after the specified time.
® ALARMRECEI VER _RETRI ES_LI M T - Maximum number of retries per call.
If set, this variable causes application to exit after the specified number of messages.

Syntax

Al ar nRecei ver ()

Arguments

See Also

® al arnr ecei ver. conf

Import Version
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Asterisk 14 Application_AMD
AMD()

Synopsis

Attempt to detect answering machines.

Description

This application attempts to detect answering machines at the beginning of outbound calls. Simply call this application after the call has been answered
(outbound only, of course).

When loaded, AMD reads amd.conf and uses the parameters specified as default values. Those default values get overwritten when the calling AMD with
parameters.

This application sets the following channel variables:

® AMDSTATUS - This is the status of the answering machine detection

®* MACHINE

* HUMAN

* NOTSURE

* HANGUP
® AMDCAUSE - Indicates the cause that led to the conclusion
TOOLONG - Total Time.
INITIALSILENCE - Silence Duration - Initial Silence.
HUMAN - Silence Duration - afterGreetingSilence.
LONGGREETING - Voice Duration - Greeting.
MAXWORDLENGTH - Word Length - max length of a single word.
MAXWORDS - Word Count - maximum number of words.

Syntax

AMD([initial Silence,[greeting,[afterGeetingSilence,[total Analysis
Ti me, [ m ni umrdLengt h, [ bet weenWor dSi | ence, [ maxi munNurber Of Wor ds, [ si | enceThr eshol d, [ maxi mumAordLengt h]11]111111)

Arguments

® initialSilence-Ismaximum initial silence duration before greeting.
If this is exceeded, the result is detection as a MACHINE
® greeting -is the maximum length of a greeting.
If this is exceeded, the result is detection as a MACHINE
® after G eetingSil ence - Is the silence after detecting a greeting.
If this is exceeded, the result is detection as a HUMAN
® total Anal ysis Tine - Isthe maximum time allowed for the algorithm
to decide on whether the audio represents a HUMAN, or a MACHINE
® m ni umAbr dLengt h - Is the minimum duration of Voice considered to be a word
® bet weenWr dSi | ence - Is the minimum duration of silence after a word to consider the audio that follows to be a new word
® maxi munNunber OF Wor ds - Is the maximum number of words in a greeting
If this is exceeded, then the result is detection as a MACHINE
® silenceThreshol d - What is the average level of noise from 0 to 32767 which if not exceeded, should be considered silence?
® maxi mumAbr dLengt h - Is the maximum duration of a word to accept.
If exceeded, then the result is detection as a MACHINE

See Also

® Asterisk 14 Application_WaitForSilence
® Asterisk 14 Application_WaitForNoise
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Asterisk 14 Application_Answer
Answer()

Synopsis

Answer a channel if ringing.

Description

If the call has not been answered, this application will answer it. Otherwise, it has no effect on the call.

Syntax

Answer ([ del ay] )

Arguments

® del ay - Asterisk will wait this number of milliseconds before returning to the dialplan after answering the call.

See Also

® Asterisk 14 Application_Hangup
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Asterisk 14 Application_Authenticate
Authenticate()

Synopsis

Authenticate a user

Description

This application asks the caller to enter a given password in order to continue dialplan execution.

If the password begins with the / character, it is interpreted as a file which contains a list of valid passwords, listed 1 password per line in the file.
When using a database key, the value associated with the key can be anything.

Users have three attempts to authenticate before the channel is hung up.

Syntax

Aut hent i cat e( password, [ options, [ maxdi gits, [prompt]]])

Arguments

® passwor d - Password the user should know
® options
® a - Set the channels' account code to the password that is entered
® d - Interpret the given path as database key, not a literal file.
®* m- Interpret the given path as a file which contains a list of account codes and password hashes delimited with : , listed one per
line in the file. When one of the passwords is matched, the channel will have its account code set to the corresponding account
code in the file.
® r - Remove the database key upon successful entry (valid with d only)
* maxdi gi t s - maximum acceptable number of digits. Stops reading after maxdigits have been entered (without requiring the user to
press the # key). Defaults to 0 - no limit - wait for the user press the # key.
® pronpt - Override the agent-pass prompt file.

See Also

® Asterisk 14 Application_VMAuthenticate
® Asterisk 14 Application_DISA
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Asterisk 14 Application_BackGround
BackGround()

Synopsis

Play an audio file while waiting for digits of an extension to go to.

Description

This application will play the given list of files (do not put extension) while waiting for an extension to be dialed by the calling channel. To continue waiting
for digits after this application has finished playing files, the Wi t Ext en application should be used.

If one of the requested sound files does not exist, call processing will be terminated.
This application sets the following channel variable upon completion:

® BACKGROUNDSTATUS - The status of the background attempt as a text string.

® SUCCESS
® FAILED
Syntax
BackGround(filenanel& filename2[& ..]],[options,[langoverride,[context]]])
Arguments

* filenanes
® filenanmel
® filename2
® options
® s - Causes the playback of the message to be skipped if the channel is not in the up state (i.e. it hasn't been answered yet). If
this happens, the application will return immediately.
® n - Don't answer the channel before playing the files.
®* m- Only break if a digit hit matches a one digit extension in the destination context.
® | angoverri de - Explicitly specifies which language to attempt to use for the requested sound files.
® cont ext - This is the dialplan context that this application will use when exiting to a dialed extension.

See Also
Asterisk 14 Application_ControlPlayback
Asterisk 14 Application_WaitExten

Asterisk 14 Application_BackgroundDetect
Asterisk 14 Function_TIMEOUT
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Asterisk 14 Application_BackgroundDetect
BackgroundDetect()

Synopsis

Background a file with talk detect.

Description

Plays back filename, waiting for interruption from a given digit (the digit must start the beginning of a valid extension, or it will be ignored). During the
playback of the file, audio is monitored in the receive direction, and if a period of non-silence which is greater than min ms yet less than max ms is followed
by silence for at least sil ms, which occurs during the first analysistime ms, then the audio playback is aborted and processing jumps to the talk extension, if
available.

Syntax

BackgroundDet ect (fil ename, [sil,[min,[nax,[analysistime]]]])

Arguments

¢ filename

® sil -If not specified, defaults to 1000.
® m n - If not specified, defaults to 100.
L]
°

max - If not specified, defaults to i nfinity.
anal ysi sti ne - If not specified, defaultsto i nfinity.

See Also
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Asterisk 14 Application_Bridge
Bridge()

Synopsis

Bridge two channels.

Description

Allows the ability to bridge two channels via the dialplan.
This application sets the following channel variable upon completion:

® BRI DGERESULT - The result of the bridge attempt as a text string.
® SUCCESS

FAILURE

LOOP

NONEXISTENT

INCOMPATIBLE

Syntax

Bri dge(channel , [options])

Arguments

® channel - The current channel is bridged to the specified channel.
® options
® p - Play a courtesy tone to channel.
® F - When the bridger hangs up, transfer the bridged party to the specified destination and start execution at that location.
® context
® exten
® priority
® F - When the bridger hangs up, transfer the bridged party to the next priority ofthe current extension and start execution at that
location.
® h - Allow the called party to hang up by sending the * DTMF digit.
® H- Allow the calling party to hang up by pressing the * DTMF digit.
® k - Allow the called party to enable parking of the call by sending the DTMF sequence defined for call parking in f eat ur es. con
f.
® K- Allow the calling party to enable parking of the call by sending the DTMF sequence defined for call parking in f eat ur es. con
f.
® L(xyz) - Limitthe call to x ms. Play a warning when y ms are left. Repeat the warning every z ms. The following special
variables can be used with this option:
® LIMT_PLAYAUDI O CALLER - Play sounds to the caller. yes|no (default yes)
LI M T_PLAYAUDI O _CALLEE - Play sounds to the callee. yes|no
LI M T_TI MEQUT_FI LE - File to play when time is up.
LI M T_CONNECT_FI LE - File to play when call begins.
LI M T_WARNI NG _FI LE - File to play as warning if y is defined. The default is to say the time remaining.

SB - Hang up the call after x seconds after the called party has answered the call.

t - Allow the called party to transfer the calling party by sending the DTMF sequence defined in f eat ur es. conf .

T - Allow the calling party to transfer the called party by sending the DTMF sequence defined in f eat ur es. conf .

w - Allow the called party to enable recording of the call by sending the DTMF sequence defined for one-touch recording in f eat

ures. conf.

® W- Allow the calling party to enable recording of the call by sending the DTMF sequence defined for one-touch recording in f eat
ures. conf.

® x - Cause the called party to be hung up after the bridge, instead of being restarted in the dialplan.

See Also
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Asterisk 14 Application_BridgeAdd
BridgeAdd()

Synopsis

Join a bridge that contains the specified channel.

Description

This application places the incoming channel into the bridge containing the specified channel. The specified channel only needs to be the prefix of a full
channel name IE. 'SIP/cisco0001".

Syntax

Bri dgeAdd( [ nane] )

Arguments

® nane - Name of the channel in an existing bridge

See Also
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Asterisk 14 Application_BridgeWait
BridgeWait()

Synopsis
Put a call into the holding bridge.

Description

This application places the incoming channel into a holding bridge. The channel will then wait in the holding bridge until some event occurs which removes
it from the holding bridge.

Note
This application will answer calls which haven't already been answered.

Syntax

‘ Bri dgeWit ([ name, [rol e, [options]]])

Arguments

® nane - Name of the holding bridge to join. This is a handle for Bri dgeWai t only and does not affect the actual bridges that are created.
If not provided, the reserved name def aul t will be used.
® rol e - Defines the channel's purpose for entering the holding bridge. Values are case sensitive.
® partici pant - The channel will enter the holding bridge to be placed on hold until it is removed from the bridge for some

reason. (default)
® announcer - The channel will enter the holding bridge to make announcements to channels that are currently in the holding

bridge. While an announcer is present, holding for the participants will be suspended.
® options
® m- The specified MOH class will be used/suggested for music on hold operations. This option will only be useful for
entertainment modes that use it (m and h).
® class
® e - Which entertainment mechanism should be used while on hold in the holding bridge. Only the first letter is read.

® m- Play music on hold (default)
® r - Ring without pause
® s - Generate silent audio
® h - Put the channel on hold
® n - No entertainment
® S- Automatically exit the bridge and return to the PBX after duration seconds.
® duration

See Also
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Asterisk 14 Application_Busy
Busy()

Synopsis

Indicate the Busy condition.

Description

This application will indicate the busy condition to the calling channel.

Syntax

Busy([tineout])

Arguments
® tineout - If specified, the calling channel will be hung up after the specified number of seconds. Otherwise, this application will wait until
the calling channel hangs up.
See Also

Asterisk 14 Application_Congestion
Asterisk 14 Application_Progress
Asterisk 14 Application_Playtones
Asterisk 14 Application_Hangup
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Asterisk 14 Application_CallCompletionCancel
CallCompletionCancel()

Synopsis

Cancel call completion service

Description

Cancel a Call Completion Request.
This application sets the following channel variables:

® CC_CANCEL_RESULT - This is the returned status of the cancel.
® SUCCESS
* FAIL
® CC_CANCEL_REASON- This is the reason the cancel failed.
®* NO_CORE_INSTANCE
®* NOT_GENERIC
®* UNSPECIFIED

Syntax

Cal | Conpl eti onCancel ()

Arguments

See Also
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Asterisk 14 Application_CallCompletionRequest
CallCompletionRequest()

Synopsis

Request call completion service for previous call

Description
Request call completion service for a previously failed call attempt.
This application sets the following channel variables:

® CC_REQUEST_RESULT - This is the returned status of the request.
® SUCCESS
* FAIL
® CC_REQUEST_REASON- This is the reason the request failed.
®* NO_CORE_INSTANCE
®* NOT_GENERIC
® TOO_MANY_REQUESTS
®* UNSPECIFIED

Syntax

Cal | Conpl eti onRequest ()

Arguments

See Also
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Asterisk 14 Application_CELGenUserEvent
CELGenUserEvent()

Synopsis

Generates a CEL User Defined Event.

Description

A CEL event will be immediately generated by this channel, with the supplied name for a type.

Syntax

CELGenUser Event (event - nane, [ extra])

Arguments

® event - nane
® event - nane
® extra - Extra text to be included with the event.

See Also
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Asterisk 14 Application_ChangeMonitor
ChangeMonitor()

Synopsis

Change monitoring filename of a channel.

Description

Changes monitoring filename of a channel. Has no effect if the channel is not monitored.

Syntax

ChangeMoni tor (fi | enane_base)

Arguments

* fil ename_base - The new filename base to use for monitoring this channel.

See Also
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Asterisk 14 Application_ChanlsAvail
ChanlsAvail()

Synopsis

Check channel availability

Description
This application will check to see if any of the specified channels are available.
This application sets the following channel variables:

AVAI LCHAN - The name of the available channel, if one exists

AVAI LORI GCHAN - The canonical channel name that was used to create the channel
AVAI LSTATUS - The device state for the device

AVAI LCAUSECODE - The cause code returned when requesting the channel

Syntax

Chanl sAvai | ([ Technol ogy2/ Resource2[ & ..]],[options])

Arguments

® Technol ogy/ Resour ce - ** Technol ogy2/ Resour ce2 - Optional extra devices to check
If you need more than one enter them as Technology2/Resource2&Technology3/Resource3&.....
Specification of the device(s) to check. These must be in the format of Technol ogy/ Resour ce, where Technology represents a
particular channel driver, and Resource represents a resource available to that particular channel driver.
® options
® a - Check for all available channels, not only the first one
® s - Consider the channel unavailable if the channel is in use at all
® t - Simply checks if specified channels exist in the channel list

See Also
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Asterisk 14 Application_ChannelRedirect
ChannelRedirect()

Synopsis

Redirects given channel to a dialplan target

Description
Sends the specified channel to the specified extension priority
This application sets the following channel variables upon completion

® CHANNELREDI RECT_STATUS - Are set to the result of the redirection
* NOCHANNEL
® SUCCESS

Syntax

Channel Redi rect (channel , [ context, [extension,]]priority)

Arguments

channel
cont ext
ext ensi on
priority

See Also
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Asterisk 14 Application_ChanSpy

ChanSpy()

Synopsis

Listen to a channel, and optionally whisper into it.

Description

This application is used to listen to the audio from an Asterisk channel. This includes the audio coming in and out of the channel being spied on. If the chan
pr efi x parameter is specified, only channels beginning with this string will be spied upon.

While spying, the following actions may be performed:

® Dialing # cycles the volume level.

® Dialing *

will stop spying and look for another channel to spy on.

® Dialing a series of digits followed by # builds a channel name to append to chanpr ef i x. For example, executing ChanSpy(Agent) and
then dialing the digits '1234+#' while spying will begin spying on the channel '‘Agent/1234'. Note that this feature will be overridden if the 'd'
or 'u' options are used.

Note

The X option supersedes the three features above in that if a valid single digit extension exists in the correct context ChanSpy will exit to it. This
also disables choosing a channel based on chanpr ef i x and a digit sequence.

Syntax

ChanSpy([chanprefix, [options]])

Arguments

® chanprefix
® options

b - Only spy on channels involved in a bridged call.
B - Instead of whispering on a single channel barge in on both channels involved in the call.
c
® digit - Specify a DTMF digit that can be used to spy on the next available channel.
d - Override the typical numeric DTMF functionality and instead use DTMF to switch between spy modes.
® 4 - spy mode
® 5 - whisper mode
® 6 - barge mode
e - Enable enforced mode, so the spying channel can only monitor extensions whose name is in the ext : delimited list.
® ext
E - Exit when the spied-on channel hangs up.
g
® grp - Only spy on channels in which one or more of the groups listed in grp matches one or more groups from the SPYG
ROUP variable set on the channel to be spied upon.
| - Allow usage of a long queue to store audio frames.
n - Say the name of the person being spied on if that person has recorded his/her name. If a context is specified, then that
voicemail context will be searched when retrieving the name, otherwise the def aul t context be used when searching for the
name (i.e. if SIP/1000 is the channel being spied on and no mailbox is specified, then 1000 will be used when searching for the

name).
® mail box
® cont ext

0 - Only listen to audio coming from this channel.
g - Don't play a beep when beginning to spy on a channel, or speak the selected channel name.
r - Record the session to the monitor spool directory. An optional base for the filename may be specified. The default is chansp
y.
® basenane
s - Skip the playback of the channel type (i.e. SIP, IAX, etc) when speaking the selected channel name.
S - Stop when no more channels are left to spy on.
u - The chanpr ef i x parameter is a channel uniqueid or fully specified channel name.
v - Adjust the initial volume in the range from - 4 to 4. A negative value refers to a quieter setting.
® val ue
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* w- Enable whi sper mode, so the spying channel can talk to the spied-on channel.

®* W- Enable pri vat e whi sper mode, so the spying channel can talk to the spied-on channel but cannot listen to that channel.

® X

® digit - Specify a DTMF digit that can be used to exit the application while actively spying on a channel. If there is no
channel being spied on, the DTMF digit will be ignored.

® X- Allow the user to exit ChanSpy to a valid single digit numeric extension in the current context or the context specified by the S
PY_EXI T_CONTEXT channel variable. The name of the last channel that was spied on will be stored in the SPY_CHANNEL variabl
e.

See Also
® Asterisk 14 Application_ExtenSpy

® Asterisk 14 ManagerEvent_ChanSpyStart
® Asterisk 14 ManagerEvent_ChanSpyStop
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Asterisk 14 Application_ClearHash
ClearHash()

Synopsis

Clear the keys from a specified hashname.

Description

Clears all keys out of the specified hashname.

Syntax

Cl ear Hash( hashnane)

Arguments

® hashnane

See Also
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Asterisk 14 Application_ConfBridge
ConfBridge()

Synopsis

Conference bridge application.

Description
Enters the user into a specified conference bridge. The user can exit the conference by hangup or DTMF menu option.
This application sets the following channel variable upon completion:

®* CONFBRI DGE_RESULT
® FAILED - The channel encountered an error and could not enter the conference.
HANGUP - The channel exited the conference by hanging up.
KICKED - The channel was kicked from the conference.
ENDMARKED - The channel left the conference as a result of the last marked user leaving.
DTMF - The channel pressed a DTMF sequence to exit the conference.
TIMEOUT - The channel reached its configured timeout.

Syntax

Conf Bri dge(conference, [bridge_profile, [user_profile, [menu]]])

Arguments

® conf erence - Name of the conference bridge. You are not limited to just numbers.

® bridge_profile-The bridge profile name from confbridge.conf. When left blank, a dynamically built bridge profile created by the
CONFBRIDGE dialplan function is searched for on the channel and used. If no dynamic profile is present, the ‘default_bridge' profile
found in confbridge.conf is used.
It is important to note that while user profiles may be unigue for each participant, mixing bridge profiles on a single conference is _NOT_
recommended and will produce undefined results.

® user_profil e - The user profile name from confbridge.conf. When left blank, a dynamically built user profile created by the
CONFBRIDGE dialplan function is searched for on the channel and used. If no dynamic profile is present, the ‘default_user' profile found
in confbridge.conf is used.

® nmenu - The name of the DTMF menu in confbridge.conf to be applied to this channel. When left blank, a dynamically built menu profile
created by the CONFBRIDGE dialplan function is searched for on the channel and used. If no dynamic profile is present, the
'default_menu' profile found in confbridge.conf is used.

See Also
® Asterisk 14 Application_ConfBridge

® Asterisk 14 Function_CONFBRIDGE
® Asterisk 14 Function_CONFBRIDGE_INFO

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 470



Asterisk 14 Application_Congestion
Congestion()

Synopsis

Indicate the Congestion condition.

Description

This application will indicate the congestion condition to the calling channel.

Syntax

Congestion([tineout])

Arguments
® tineout - If specified, the calling channel will be hung up after the specified number of seconds. Otherwise, this application will wait until
the calling channel hangs up.
See Also

Asterisk 14 Application_Busy
Asterisk 14 Application_Progress
Asterisk 14 Application_Playtones
Asterisk 14 Application_Hangup
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Asterisk 14 Application_ContinueWhile
ContinueWhile()

Synopsis

Restart a While loop.

Description

Returns to the top of the while loop and re-evaluates the conditional.

Syntax

Cont i nueWi | e()

Arguments

See Also
® Asterisk 14 Application_While

® Asterisk 14 Application_EndWhile
® Asterisk 14 Application_ExitWhile
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Asterisk 14 Application_ControlPlayback
ControlPlayback()

Synopsis

Play a file with fast forward and rewind.

Description

This application will play back the given filename.
It sets the following channel variables upon completion:

® CPLAYBACKSTATUS - Contains the status of the attempt as a text string

® SUCCESS

* USERSTOPPED

* REMOTESTOPPED

®* ERROR
® CPLAYBACKOFFSET - Contains the offset in ms into the file where playback was at when it stopped. - 1 is end of file.
® CPLAYBACKSTOPKEY - If the playback is stopped by the user this variable contains the key that was pressed.

Syntax

Control Pl ayback(fil ename, [skipns,[ff,[rew [stop,[pause,[restart,[options]]]]]1]])

Arguments

® filenane
® ski pms - This is number of milliseconds to skip when rewinding or fast-forwarding.
® ff - Fast-forward when this DTMF digit is received. (defaults to #)
® rew- Rewind when this DTMF digit is received. (defaults to *)
® stop - Stop playback when this DTMF digit is received.
® pause - Pause playback when this DTMF digit is received.
® restart - Restart playback when this DTMF digit is received.
® options

®o0

® tine - Start at time ms from the beginning of the file.

See Also
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Asterisk 14 Application_DAHDIAcceptR2Call
DAHDIAcceptR2Call()

Synopsis

Accept an R2 call if its not already accepted (you still need to answer it)

Description

This application will Accept the R2 call either with charge or no charge.

Syntax

DAHDI Accept R2Cal | (char ge)

Arguments

® charge - Yes or No.
Whether you want to accept the call with charge or without charge.

See Also
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Asterisk 14 Application_ DAHDIRAS
DAHDIRAS()

Synopsis

Executes DAHDI ISDN RAS application.

Description

Executes a RAS server using pppd on the given channel. The channel must be a clear channel (i.e. PRI source) and a DAHDI channel to be able to use
this function (No modem emulation is included).

Your pppd must be patched to be DAHDI aware.

Syntax

DAHDI RAS( ar gs)

Arguments

® args - Alist of parameters to pass to the pppd daemon, separated by , characters.

See Also
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Asterisk 14 Application_DAHDIScan
DAHDIScan()

Synopsis

Scan DAHDI channels to monitor calls.

Description

Allows a call center manager to monitor DAHDI channels in a convenient way. Use # to select the next channel and use * to exit.

Syntax

DAHDI Scan( [ group] )

Arguments

® group - Limit scanning to a channel group by setting this option.

See Also

® Asterisk 14 ManagerEvent_ChanSpyStart
® Asterisk 14 ManagerEvent_ChanSpyStop
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Asterisk 14 Application_DAHDISendCallreroutingFacility
DAHDISendCallreroutingFacility()

Synopsis

Send an ISDN call rerouting/deflection facility message.

Description

This application will send an ISDN switch specific call rerouting/deflection facility message over the current channel. Supported switches depend upon the
version of libpri in use.

Syntax

DAHDI SendCal | rerouti ngFaci | i ty(destination,[original,[reason]])

Arguments

® destinati on - Destination number.
® original -Original called number.
® reason - Diversion reason, if not specified defaults to unknown

See Also
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Asterisk 14 Application_DAHDISendKeypadFacility
DAHDISendKeypadFacility()

Synopsis

Send digits out of band over a PRI.

Description

This application will send the given string of digits in a Keypad Facility IE over the current channel.

Syntax

DAHDI SendKeypadFaci lity(digits)

Arguments
® digits
See Also
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Asterisk 14 Application_DateTime
DateTime()

Synopsis

Says a specified time in a custom format.

Description

Say the date and time in a specified format.

Syntax

Dat eTi ne([uni xtine, [tinezone, [format]]])

Arguments

® uni xti me - time, in seconds since Jan 1, 1970. May be negative. Defaults to now.
® tinmezone -timezone, see / usr/ shar e/ zonei nf o for a list. Defaults to machine default.
® fornmat - aformatthe time is to be said in. See voi cenai | . conf . Defaults to ABdY "digits/at" | M

See Also
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Asterisk 14 Application_DBdel
DBdel()

Synopsis

Delete a key from the asterisk database.

Description

This application will delete a key from the Asterisk database.

Note
This application has been DEPRECATED in favor of the DB_DELETE function.

Syntax

‘ DBdel (fami | y/ key)

Arguments

® famly
® key

See Also
® Asterisk 14 Function_DB_DELETE

® Asterisk 14 Application_DBdeltree
® Asterisk 14 Function_DB
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Asterisk 14 Application_DBdeltree
DBdeltree()

Synopsis

Delete a family or keytree from the asterisk database.

Description

This application will delete a family or keytree from the Asterisk database.

Syntax

DBdel tree(family/[keytree])

Arguments

® famly
® keytree

See Also
® Asterisk 14 Function_DB_DELETE

® Asterisk 14 Application_DBdel
® Asterisk 14 Function_DB

Import Version

This documentation was imported from Asterisk Version GIT-master-7d17164

Content is licensed under a Creative Commons Attribution-ShareAlike 3.0 United States License. 481



Asterisk 14 Application_DeadAGI
DeadAGI()

Synopsis

Executes AGI on a hungup channel.

Description

Executes an Asterisk Gateway Interface compliant program on a channel. AGI allows Asterisk to launch external programs written in any language to
control a telephony channel, play audio, read DTMF digits, etc. by communicating with the AGI protocol on stdin and stdout. As of 1. 6. 0, this channel will
not stop dialplan execution on hangup inside of this application. Dialplan execution will continue normally, even upon hangup until the AGI application
signals a desire to stop (either by exiting or, in the case of a net script, by closing the connection). A locally executed AGI script will receive SIGHUP on
hangup from the channel except when using DeadAGlI. A fast AGI server will correspondingly receive a HANGUP inline with the command dialog. Both of
theses signals may be disabled by setting the AG SI GHUP channel variable to no before executing the AGI application. Alternatively, if you would like the
AGI application to exit immediately after a channel hangup is detected, set the AG EXI TONHANGUP variable to yes.

Use the CLI command agi show commands to list available agi commands.
This application sets the following channel variable upon completion:

® AQ STATUS - The status of the attempt to the run the AGI script text string, one of:

® SUCCESS
®* FAILURE
* NOTFOUND
* HANGUP
Syntax
DeadAG (commend, argl, [arg2[,...]])
Arguments
® command
® args
® argl
® arg2
See Also

® Asterisk 14 Application_AGI
® Asterisk 14 Application_EAGI

